ABSTRACT

FAIR, MARTENE L. Active Incipient Fault Detection With Multiple Simultaneous
Faults. (Under the direction of Dr. Stephen Campbell).

Recently an active approach for the detection of incipient faults has been intro-
duced. This approach is based on a multi-model formulation of normal and faulty
systems, where the fault is modeled as a change in a system parameter. It involved
finding an auxiliary signal designed to enhance the detection of variations in this pa-
rameter. However, that work examined systems where there was only one incipient
fault occurring at a time.

We detect small parameter variations in linear uncertain systems due to incipient
faults using an active approach to fault detection. Unlike previous studies where it
is usually assumed that there is only one fault, we allow for multiple faults to occur
simultaneously which is a natural assumption in the incipient case. This dissertation
is an extension of the multi-model approach used for the construction of auxiliary
signals for incipient failure detection.

We examine the discrete time case with a modified noise bound, which is a problem
that can be attacked directly. We also study the continuous time case which has a
similar model, but requires that we solve a linear quadratic regulator problem. Both
models involve only additive uncertainty. However, in our setup of the incipient fault
problem we find that some types of model uncertainty are allowable. In essence, some

parameters are treated as faults and some of them are treated as model uncertainties.
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Chapter 1

Introduction

1.1 Motivation

We live in a society where people are directly and indirectly influenced by sophis-
ticated and highly-automated systems and the smooth operation of these systems is
tied to their efficiency and productivity. Therefore, it is important to be knowledge-
able of any practical system and its operation.

A fault is an undesirable state of a system, which disrupts the system while it
performs its required and expected functions. Therefore, in any practical system it
is important to be able to detect faults. The main goal of fault detection is early
recognition of problem-prone behavior in an observed system in order to prevent
the system from shutting down or causing a problematic incident. Fault detection
increases system safety, reliability, and availability.

Fault detection has been the subject of many studies because it plays a pivotal
role in various system operations. It is an integral part of the operation of many
different systems such as electrical components, mechanical devices, and chemical
reaction processes ranging from household utilities to industrial processes. Failure
detection has been used to improve the navigation of systems such as planes, boats,

and other moving objects as well as in the development of biomedical systems.
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The goal of fault detection is the early detection of potential problems that may
occur in a system that may cause a breakdown of its functions or other undesired or
unexpected results. One issue that we must address when performing fault detection
methods is the fact that imperfections and uncertainty in the model as well as noise
in the model must be taken into account when analyzing the system for errors and
problems.

Due to its importance there has been considerable prior work done on fault de-
tection [23, 36, 43]. In our work we look at the case where multiple faults occur
simultaneously. In this study, we first examine the outputs of two difference equation
models of a particular system. One model represents the normal behavior of the
system and the other model represents its faulty behavior. We want to determine if
anything has gone wrong as the system goes through its processes.

We also study the continuous time case and we examine the outputs of two differ-
ent ordinary differential equation (ode) models of a particular system. Again, we look
at two models: one model represents the normal behavior of a system and the other
model represents its faulty behavior. We want to determine if a fault has occurred as
the system goes through its processes.

There are two main approaches to fault detection. In a passive approach the
detector measures system states and looks for a deviation from a known fault-free
condition. Using this method the state of the system can be tested by creating
an observer or performing statistical analysis on the output of the system. Passive
detection is particularly useful for systems that are restrictive to auxiliary signals due
to safety, material, or sensitivity issues. One disadvantage to the passive approach
is the fact that certain faults can be masked as the system goes through its normal
operations. For example, if a particular part of a system is experiencing wear but
that part is not in use, this fault may be undetected using the passive method. Some
of the work done on the passive approach can be found in [23].

The active approach requires that we do something to the outputs in order to
detect faults. Using this method we apply a test signal v to the system to detect the

fault, but we also do as little as possible to affect the system’s normal operation. We
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are not doing continual monitoring, but we perform a specific test designed to reveal
the presence of incipient faults that minimally disturbs the system. The system
disturbance is represented by a cost function that will allow us to determine the

optimal input v required that will satisfy our conditions.

1.2 Background

The type of fault we study is called an incipient (slowly developing) fault. When
an incipient fault begins to develop within a given system, like a mechanical system
or an electrical component, the system can still function in a reasonable manner. We
can think of this type of fault as a changing parameter.

Incipient faults have been studied in [14, 31, 32]. In [14] incipient fault detection
is applied to nonlinear systems in order to improve automated maintenance for early
detection of worn equipment in engineering systems. The work in [31] uses a multi-
model approach to detect single incipient faults by implementing a fault detector on-
line in models which contain both additive and multiplicative uncertainty. Similarly,
in [32] on-line implementation of the fault detector in the case where the failure is
modeled as a small unknown change in a system parameter of the normal system.
This particular study analyzes the additive uncertainty case.

We consider two models. Given a normal and faulty model of a particular system,
we want to find a minimal detection signal v. For the discrete time case, the following

is the normal model for the incipient problem with parameter 6:

Thy1 — A(@)Ik + B(@)Uk + M/Lk (1.1&)
yr = C(0)xr + Ny (1.1b)

When the parameter is 6, then we call the model normal and the model is called faulty
if the parameter is given by € + 66. In the single fault case, # is a scalar parameter.

In the multi-fault case 6 is a vector. We take 06 to be some unknown drift. We
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assume that the test period is short enough so that the value of # and 66 can be
considered constant for each test period. This means 6 is varying slowly. In addition,
there are several requirements on the test signal during the test period including the
system should continue to operate in a reasonable manner, the test period should be
short, and the effect of the detection signal on the system should be minimal. That is,
given bounds on the uncertainty, a test signal v is computed that provides guaranteed
detection within the bounds set, and it is also minimal. Minimality can be in terms
of the size of the test signal, the impact the test signal has on system performance,
or a combination of the two measures.

There are multiple ways to solve this problem. One possibility would be to try
to find a shape for v that works for many 66's and scale the size of v corresponding
to the desired detection threshold. This is the approach we follow. We consider two
cases: the discrete time and continuous time. Both cases include additive uncertainty
and multiple parameters.

Incipient fault detection consists of early detection of small variations in system
behavior. In our approach, the test signal is used to reveal the presence of the incipient
fault. In fact, the auxiliary signal is designed to enhance the detection of variations
in the parameter, which is usually done by using an identification scheme to estimate
the parameter on-line. As long as our uncertainty bounds and model assumptions
hold, the test signal guarantees the correct decision. Any conservatism in the setup
of the problem occurs in using a slightly larger than minimal test signal. In addition,
we do not assume any particular source of the additive uncertainty. The additive
uncertainty can be a combination of model error, colored noise, and measurement
error.

When considering incipient faults, the usual assumption is that there is only one
fault happening at a given time, but this is not always appropriate. We will examine
an active approach for incipient fault detection when there is more than one con-
current fault. The consideration of multiple faults is a major contribution of this
thesis.

The discrete time case will be considered first and this approach will then be
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extended to the continuous time case. We will specify a threshold, which is some
combination of the uncertainties, and guarantee detection if this threshold is exceeded.
This will indicate that we have a proper test signal.

The problem solved is a min max problem. In principle, the min max problem can
be solved by software, like Matlab or SOCS [11]. Algorithms to solve the incipient
fault problem for higher state dimensions and longer time horizons are extensions of

this work.

1.3 Basic Theory

Models of dynamical systems that include a set of linear differential and algebraic
equations (DAESs)
EZ + Fz= f(t) (1.2)

where F is a singular square matrix are called linear descriptor systems. Many systems
in various applications can be described by linear descriptor systems. Electrical circuit
design and network modeling problems are examples of systems that can be modeled
in this way [22].

A descriptor system is one possible result of a system design problem, which is
the development of a system which accomplishes certain objectives while fulfilling
specified constraints. To begin a system design problem the engineer is given ob-
jectives that describe the desired performance characteristics of a particular system
along with a set of constraints by which the system is bound.

The control problem is a particular type of system design problem, in which the
goal is to generate certain outputs from the system to keep the state of the system
within certain bounds. For example, an engineer may be asked to design an airplane
that uses minimal fuel. The essential elements of such an optimal control problem

are

e a mathematical model of the system,
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e a desired output,
e a set of admissible controls,

e a performance measure also called a cost functional.

For the remainder of this thesis, we restrict our study to linear time-invariant sys-
tems. For the linear time-invariant case there are special forms for the state-space
description. These forms are obtained by means of similarity transformations and
are designed to reveal those features of a system that are related to the properties of
controllability and observability [2].

Consider a continuous time model with a system based on the linear time invariant

ode

' = Ar+ Bv (1.3a)
y = Cu, (1.3b)

where z,y, and v are the state, output, and control vectors, respectively and our
time interval is ¢ € [to, tf]. Systems usually allow for noise or additive uncertainty by

adding a term to both equations in (1.3)

¥ = Az + Bv+ Mp (1.4a)
y = Cxz+ Ny, (1.4b)

where 4 is the unknown uncertainty input and matrices M and N are the weight
matrices for the state and output noise, respectively. The concepts of controllability,
observability, and stability are important factors in studying systems like (1.3).
Control theory is the mathematical study of how to manipulate the parameters
affecting the behavior of a system to produce a desired or optimal outcome. It is an
interdisciplinary branch of engineering and mathematics that deals with the behavior

of dynamical systems. The desired output of a system is called the control objective.
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When one or more output variables of a system need to follow a certain objective over
time, a controller manipulates the inputs of the system to obtain the desired effect
on the output of the system.

There are two main types of control: closed-loop and open loop. A closed loop
control computes the input based on the output. Then the state is adjusted to reach
a desired condition, which keeps the state of the system within certain bounds. An
open loop control also known as a non-feedback control computes the input of the
system without using the current state. In this case, the system does not observe
the output of the processes it is controlling. Consequently, a true open loop system
cannot, correct any errors or compensate for disturbances in the system. Our test
signals are open loop. The effect of feedback on test signal design is discussed in
7, 8].

We now define the concepts of reachability and controllability. A state x; is called
reachable at time t; if there exists an input that transfers the state of the system
x(t) from zero at some prior time ¢y to x; at time ¢;. A linear system is said to
be controllable at t, if it is possible to find some input function v(t), defined over
t € [to, t], which will transfer the initial state x(ty) to the origin at some finite time
t1 € [to,tf],t1 > to. If this is true for all initial times ¢;, and all initial states x (%),
the system is completely controllable. Our test signal v is a control (input) that will
allow us the ability to manipulate the state and hence the outputs.

For some numbers n and k& where k& < n the Cayley-Hamilton Theorem shows
that R(Cy) = R(C,), where C,, = C' is the controllability matrix of the system and
C,=[B,AB,...,A""'B] € R"*™" where A and B are taken from a system model
such as (3.25) and R(C') is the range space of the controllability matrix. For discrete
linear time invariant systems, it is not necessary to take more than k steps in the
control sequence because if the transfer cannot be accomplished in k steps, it cannot
be accomplished at all, but it is possible to accomplish x; in fewer than k steps. See
Example 1.1 on pg. 218 of [2]. In general, the solution of the control problem, vy,
is not unique, i.e., there are many inputs which can accomplish the transfer from

x(0) =z to z(k) = x; each corresponding to a particular state trajectory. In control
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problems, particular inputs are frequently selected that, in addition to transferring
the state, satisfy additional criteria such as, minimization of a cost function.

A linear system is said to be observable at t if x(ty) can be determined from
the output function y for ¢ € [to,ts] and ¢y < ¢;. If this is true for all ¢, and (%),
the system is completely observable. In order to check the observability of a system
we examine the observability matrix, O = [C,CA, ..., CA" 1T which is constructed
using the A matrix and C' matrix from (1.3). If O has full column rank, i.e., rank
O = n, then the system is state observable or (A, C') is observable. If (A, C') in (1.3) is
not observable, but the unobservable eigenvalues are stable, then (A, C') is detectable.
In other words, a system is detectable if and only if all of its unobservable eigenvalues
(modes) are stable. Therefore, even though not all system modes are observable, the
ones that are not observable but detectable do not require stabilization.

When designing the mathematical model of a system we must account for the
stability of the models. Therefore, before introducing a test signal into the model we
often want to make sure that at least within some set of parameters the system is
stable. In order to examine a system’s stability we must consider its equilibria.

Dynamical systems, occurring in nature or manufactured, usually function in some
specified mode. The most common modes are operating points that often turn out
to be equilibria.

Most of the time we are interested in the asymptotic stability of an equilibrium
(operating point). That is, when the state of a given system is displaced (disturbed)
from its desired operating value which we call the equilibrium, the expectation is that
the state will return to the equilibrium. For example, a vehicle under cruise control,
traveling at the desired constant speed of 50 mph (which determines the operating
point or equilibrium condition), encounters perturbations due to hill climbing (hill
descending), which will result in decreasing (or increasing) speeds. In a well designed
cruise control system, it is expected that the automobile will return to its desired
operating speed of 50 mph [2].

Another qualitative characterization of dynamical systems is referred to as input-

output stability. This is the expectation that bounded system inputs will result in
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bounded system outputs and small changes in inputs will result in small changes in
outputs. This property is important in tracking systems, where the output of the
system is expected to follow a desired reference or target trajectory. Many times it is
possible to establish a connection between the input-output stability properties and
the Lyapunov stability properties of an equilibrium. This link is well understood in
linear systems.

There are many qualitative characterizations that are important to systems the-
ory. These characterizations deal with the various types of stability properties of an
equilibrium and are referred to as Lyapunov stability [2].

We start by introducing some important definitions related to local properties of

an equilibrium. For the following system

¥ = f(t,x), (1.5)

assume that (1.5) has an isolated equilibrium at the origin. That means f(¢,0) = 0
for all ¢ > 0.

Consider the linear autonomous homogeneous system with ¢ representing time

' =Ax, t>0, (1.6)

and the linear homogeneous system

¥ =A(t)x, t>ty>0, (1.7)

where A(t) is assumed to be continuous. Note that if A(f) is nonsingular for all

t > 0, then z = 0 is always an equilibrium of (1.6) and (1.7) and = = 0 is the only
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equilibrium of (1.7). Also, the solution of (1.7) for z(ty) = o is of the form

B(t, to, ko) = P(t,t0)x0, t > to,

where ¢ denotes the state transition matrix of any A(¢) and the solution of (1.6) for
x(tg) = zp is given by

¢<t7 tU? $0) = q)(ta tO)xO-

If A is constant then ¢(t, to, x¢) can be written as

¢(t,t0,$0) = cb(t,t[))l'o (18)
= Cp(t - to, O)CL’O
= cb(t — tQ)ZL’O

_ €A(t_t0)l‘0.

Definition 1. For linear systems

= A(t)z, (1.9)

a state transition matriz is a matriz whose product with the state vector x at an
wniatial time to gives x at a later time t > to. The state transition matriz can be used
to find the general solution of linear dynamical systems. The state transition matriz

is denoted by ®(t,to). Thus x(t) = ®(t, to)x(to).

Definition 2. For any ty > 0 that ¢(t,tg, x.) = xe for all t > ty, i.e. the equilibrium

T 18 a unique solution of (1.5) with initial data given by ¢(t,to, x.) = xe.
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Definition 3. A point x. € R" is called an equilibrium point if «!, = f(t,x.) = 0 for
all t > t. The equilibrium x = 0 of (1.5) is said to be stable if for every e > 0 and

any to € R there exists a (e, ty) > 0 such that for all t > tg

||¢(t,t0,l'0)|| <€ (110)

whenever

[[zo]| < 6(€, to)- (1.11)

The equilibrium s stable if any other state that starts close enough to the equilibrium

stays close to the equilibrium over time.

Definition 4. The equilibrium x =0 of (1.5) is said to be asymptotically stable if it
is stable and for every ty > 0 there exists an ((ty) > 0 such that lim;_ ||¢(t,t)|| =0
whenever ||zo|| < C.

The set of all xy € R™ such that ¢(t,tg,z0) — 0 ast — oo for some tg > 0 is
called the domain of attraction of the equilibrium x = 0 of (1.5) at ty. Also, when the
equilibrium of (1.5) is asymptotically stable, then x = 0 is said to be attractive at t.
That is, an equilibrium is asymptotically stable if any other state is close enough to

the equilibrium, then the solution actually converges over time to the equilibrium.

Definition 5. The equilibrium x = 0 of (1.5) is unstable if it is not stable and there

exists a tg > 0, an € > 0, and a sequence x,, — 0 of initial points and a sequence t,,
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such that ||¢(to + tm, to, Tm)|| > € for all m,t,, > 0. Note that it can happen that a
system like (1.5) with unstable equilibrium x = 0 may have only bounded solutions.
The equilibrium x = 0 s unstable if some state trajectories move away from the
equilibrium as t goes to infinity.

The following theorem is related to Lyapunov stability of linear systems.

Theorem 1.1 1. The equilibrium x = 0 of (1.7) is stable if and only if the solutions

of (1.7) are bounded, i.e., if and only if
sup [, t0)| = k(to) < oo,

where ||®(t,ty)|| denotes the matriz norm induced by the vector norm used in R™ and
k(ty) denotes a constant that may depend on the choice of ty. See page 453 of [2] for
a proof of this theorem.

Stability helps us deal with systems that may not be controllable or observable. We
can determine the stability of a linear time invariant system by finding the eigenvalues
of matrix A of the system model. If all of the eigenvalues of A have negative real part,
the equilibrium x = 0 is asymptotically stable. The equilibrium x = 0 is stable if and
only if all of the eigenvalues have nonpositive real parts and every eigenvalue with
zero real part has an associated Jordan block of order one. If any of the eigenvalues of
A have either positive real part or has zero real part that is associated with a Jordan
block of order greater than one, then the equilibrium x = 0 is unstable.

A system is stabilizable if all the unstable eigenvalues are controllable. A system
is detectable if all unstable eigenvalues are observable. The system can be handled

effectively provided all uncontrollable and unobservable modes are stable.
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The concept of feedback connects control theory and fault detection. In a feedback
control system, the control v(¢) is modified based on information about the system.
Detectors (or sensors) measure either the system state or output and then pass that
information to the controller, which adjusts the control based on the input from the
sensors. One goal of feedback compensator design is to improve the performance of
the system by eigenvalue placement [2]. As stated earlier, the stability of a system
depends on the eigenvalues of matrix A. Therefore, by assigning desirable values to
eigenvalues, system stability can be improved. For the state feedback case, the control

can be written as

v(t) = Fu(t) — Kx(t), (1.12)

where F' is the feed-forward matrix and K is called the feedback gain matrix. Sub-

stituting (1.12) into (1.3), we obtain

¥ = (A— BK)x+ BFu (1.13a)
y = Cu. (1.13b)

Now, the eigenvalues of the A — BK matrix determine the stability of the system.
Given the proper construction of the feedback gain matrix K, the eigenvalues are
assigned to desired values. For the output feedback case, the relation for the control
1s

v(t) = Fu(t) — Ky(t), (1.14)

where F' and K are defined as above. If we substitute this relation into (1.3), we

obtain
7' =(A— BKC)x + BFu. (1.15)

Here the eigenvalues of our system, which determine the system’s stability, come from
matrix A — BKC'. However, since matrix C' is found in (1.15), the output feedback

cannot place all of the eigenvalues of the system, that is we can not totally control
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the pole placement in this case. This limitation occurs when the rank of KC' is less
than the rank of K.

Using feedback, the basic tool for many fault detection methods can be developed
using an observer. For most systems the only information about the system state is
through the output vector, which often does not provide all information about the
state of a system. In this case, output feedback is the only direct option, but recall
that with this method not all the eigenvalues of the system can be placed where
desired. To improve the stability of the system in these cases, the most widely used
approach is to reconstruct information about the remaining elements of the state

vector by creating an observer of the system. Consider the observer

¥ = A+ Bv+ L(y — C%) (1.16)
C#, (1.17)

<
Il

where Z is the observer estimate for the state vector. y is the output from the actual
system (1.13) and CZ is the observer output. If we take the difference of the observed
system and the original system and assuming e = & — x is the observer error, we

obtain

¢ = (A— LC)e. (1.18)

L is arbitrary and (A, C) is observable so we can guarantee that the observer error
goes to zero by selecting L so that A — LC' is stable. Using this setup, state feedback
is possible using an observer estimate for the state vector. Therefore, all the system
eigenvalues can be placed where desired and the system is completely controllable.
Since the complete state vector is reconstructed by the observer, faults which cause
the system states to behave unpredictably or undesirably may be detectable by such
an observer if the observer estimate is compared to those elements of the system state
vector which are accessible. This fault detection can be accomplished without the
use of an observer to affect the feedback compensator of the system.

The continuous time case of the incipient fault problem requires that we solve



Chapter 1. Introduction 15

a linear quadratic regulator (LQR) problem in order to find the optimal detection
signal. The theory of optimal control is concerned with operating a dynamic system
at minimum cost. The case where the system dynamics are described by a set of
linear differential equations and the cost is described by a quadratic functional is
called the LQ) problem [26]. One of the main results in the theory is that the solution
is provided by the LQR in the form of a feedback controller.

The settings of a (regulating) controller governing either a machine or process (like
an airplane or chemical reactor) are found by using a mathematical algorithm that
minimizes a cost function with weighting factors supplied by the engineer. The cost
function is often defined as a sum of the deviations of key measurements from their
desired values. In effect this algorithm finds those controller settings that minimize the
undesired deviations, like deviations from the desired altitude or process temperature.
Often the magnitude of the control action itself is included in this sum as to keep the
energy expended by the control action itself limited.

Essentially, the LQR algorithm takes care of the tedious work done by the control
systems engineer in optimizing the controller. However, the engineer must specify the
weighting factors and compare the results with the specified design goals. Often this
means that controller synthesis will be an iterative process where the engineer judges
the produced optimal controllers through simulation and then adjusts the weighting

factors to get a controller more in line with the specified design goals.

1.4 Previous Theory

While our results build on previous work on test signals [11, 33, 31, 10, 27|, we
do not make identical assumptions. To understand this difference we must briefly

summarize the previous work.
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1.4.1 Standard Method vs. Incipient Method

We look at two approaches to find a test signal that will detect incipient faults:
the standard two model method and the incipient two model method. The results
from the two approaches are compared. These approaches are also used in [33].

With the standard two model method we consider finding an auxiliary signal for
two fixed models and in order to determine the solution using the incipient two model
method we consider a parameterized family of models. We get two models that allow
us to find the incipient detection signal after problem reformulation and a limiting
process. These models are not identical to the ones found using the standard two
model method, but similar mathematical techniques can be used for analysis.

The computed incipient test signal, with scaling, can then be used over a range of
parameter values. Since the test signal is designed to work for a range of parameters,
the solution of the incipient two model problem can be quite different from the test
signal found by the standard two model method which only considers two parameter
values. Further, in the two parameter valued case, we get a signal that guarantees
detection. In the incipient case since there is some approximation and reformula-
tion involved, we specify a threshold and guarantee detection if some combination of

uncertainties exceeds that threshold.

1.4.2 Proper test signal, v

It is important to define what it means for our test signal v to be proper because
a proper test signal gives us the ability to distinguish between the normal and faulty
system models. Here we specify what it means in the discrete time case. Note that a
proper test signal for the continuous time problem has the same definition but slightly

different notation.
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Assume that we have two discrete linear time invariant models of the form

zh = Axh+ B+ My, k=0,...,K—1 (1.19a)
yi = Cixh + Nty k=0,... K. (1.19b)

For the above model, the 7 indicates model 0 or model 1, where model 0 is considered
the normal system and model 1 is considered the faulty system. Also, z} is the
state of the system 7 at a specific time k, vy, is the test signal, and u} represents the
noise/additive uncertainty of the system. The only commonality between the two
models is the detection signal, v;. There are two unknowns, zo and u’. Let B; be
n x m. Thus, each 2 is n X 1 and vy is m x 1. Suppose each y! is r x 1. Actually,
the zi could have different sizes n;, that is, the state dimension could be different for
model 0 and model 1. But we will ignore that for now since this does not occur in
the incipient case.

We consider x{ to be uncertain or noise. In the approach of [10], it is assumed

that the uncertainty in each model is bounded by
K
Sp = (24)" Qixlh + > (i) " wj, < 1 (1.20)

where the bound of 1 is taken for convenience. Again, ¢ = 0 represents the noise
bound for the normal model of a particular system and ¢ = 1 corresponds to the noise
for a faulty model of the same system. In this thesis we will consider Sy + 57 < 1.

Note that the scaling of M; easily accommodates other bounds.
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Using a static formulation of our problem we define the vectors

. T
! ¢ )
1 Yo i 0
i . i . i MO o
xr = : Yy = : wo= . y U =
Tg Yk i VK1
1254

Notice that z refers to a collection of time points. This is true for each of the variables
with similar notation.

Then (1.19) can be rewritten

y' = Ca'+ Ny (1.21Db)
where
I 0 0
A M; O 0
-A;, 1 0
0O 0 M, O
gz: 0 —Al I ,Mz:
0
0
O ... 0 0 M O
0 ... 0 —=A T KxK+2
KxK
Bi = Dla’g(Bu aB’L)KXKa
0 O 0
c; 0 0
Ci=10 ,
0
0 0 C;

K+1xK
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C; N, 0 0
0 0 N
N, =
0
0O ... 0 0 N,

K4+1xK+2

The sizes shown on the block matrices, like K x K are its block size. That is, for
example &; is K blocks by K blocks. But &; is invertible so we can solve (1.21a) for
2" and substitute into (1.21b) to get

y' = Ci (& N (Biv+ M) + Nyt (1.22a)

This shows us that in the discrete time case we may assume that we have two
models of the form

y'= X+ Hp', i=0,1, (1.23)

where X; = C;E'B;, H; = C;E ' M; + N;. The form (1.23) will be very convenient
in writing our calculations and getting easier to program algorithms. However, since
it does not exploit the structure of the matrices involved, it is not the most efficient.
Later on the X;, H; may come from different problems but this will be a good starting
point. The computations based on (1.23) may not be the most efficient for larger
problems.

Now, we want to talk about v being proper. A detection signal, v, is proper if it
separates the output sets of the two models (i.e., the normal and faulty output sets
are disjoint). So suppose that it is possible to get the same output from both models,

that is, y° = y'. Using (1.23) this says

0
o
(X, — Xo)v = Hop® — Hip' = [Hy, —H{] ( 1) = Hyp. (1.24)
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We assume that H is full row rank and we have a noise bound
()1’ + (u) Tt < 1. (1.25)

Now v is proper if ||u||? > 1 for all g for which (1.24) holds. So it suffices to look at
such p and see if it is greater than or equal to one in norm.

For a fixed v the minimum norm p satisfying (1.24) is given by
HY(X) — Xo)v, (1.26)

where H' is the minimum norm least squares inverse (also called the Moore-Penrose

generalized inverse) of H [27]. If H,,x, is full row rank, then the singular value
E_l
decomposition (SVD) of H is U[X 0]V, and HT = V(
0

m X m orthogonal matrix, V' is an n x n orthogonal matrix, and since H has full

> U, where U is an

row rank (i.e., the rank is m), ¥ = Diag(o1, 03, ...,0) is an m x m diagonal matrix
such that these o;’s are the nonzero singular values of H. Recall that the o?’s are
the eigenvalues of H*H and the singular vectors for H are the specialized sets of
eigenvectors for H*H.

If H'(X; — Xo)v is less than one in norm, then v is not proper. Now think of
picking v. It needs to make (1.26) have norm at least one and also be as small as
possible. Take the SVD of HT(X; — X;). Let o be the largest singular value of
HT(X, - X;) and let v be a normalized right singular vector (||y|| = 1) that goes with
the singular value o. Then if we take v* = o~ !y we will have that HT(X; — Xj)v*
has norm one and v* is proper. In fact, v* is the smallest test signal that works with

the given noise bound (1.25).

Proof. (v* is the smallest test signal with the given bounds): Suppose o; is the

largest singular value of HT(X; — X)) and let v, be a normalized right singular vector
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(|[71]l = 1) that goes with the singular value o;. Then if we take v* = o7 '71, we will
have that HT(X; — X;)v* has norm one and v* is proper.

Now, take the SVD of HT(X; — X;) to be given by U[X 0]VT. We want to
look at ||[UX VTv||> = 1. Since U is an orthogonal matrix, using the two-norm,
|2V Tw||?> = 1. Let w = VTv. So we want w to be small and ||Xw]|?> = 1. Notice that
since 3 = Diag(0;, .. .)uxn and w is an n X 1 column vector, this gives > o?w? = 1,
where i = 1,2, ...,n. Since o is the largest singular value, take w; = 1/07 and w; = 0
for i = 2,3,...,n. Then, ||Sw||> = 1 so the w;’s we have chosen work. Notice that
since > o?w? = 1 and > o?w? > 1, this implies o?||w||* > 1. Hence, 1/07 < ||w||?,
which implies that 1/, < ||w|| if 0y > 1. Therefore, w = [1/071,0,...,0], but w = Vv
and V7 is orthogonal by properties of the SVD, so Vw = v. This gives the smallest

proper test signal v, which we call v*. O

1.4.3 L? norm

L? norm of a vector c, ||c||, is defined for a complex vector ¢ = [cy, ¢a, . .., c,]T by
el = VETeor |e]| = /Sor, |ei]?, where |¢;| denotes the complex modulus. L? norm
is the vector norm commonly encountered in vector algebra and vector operations
such as the dot product. It is also referred to as the two-norm or the Euclidean norm
for vectors.

We use the two (or euclidean) norm for the total noise in our models. The work
done in [10] used the max (or infinity) norm on the noise in the models, therefore
we are solving a related, but different problem. Recall that for any finite vector
¢ llelle < lefl2 < lelli. See [27]. Using the two norm makes our inner minimum

problem easier to deal with.
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1.4.4 [ Bounds and Maximum

Now we discuss how the parameter § which occurs in [32] is related to our de-
velopment of the noise measure we use later in this thesis. We assume that (§ is a
number such that 0 < § < 1 and we use it in the definition of the bound on the
proper test signal v.

Here we outline the work done in [32] to define parameter  and how we use it to
determine proper test signals. In the multi-model framework of the auxiliary signal
design problem as presented in [10], the system models for the normal and failed
systems of the continuous time case are taken to be the following two models over

the test period [0, T:

y = Ciz;+ Dyv+ Ny, (1.27b)

for i = 0 and 1. v is the auxiliary signal input, y is the measured output, x}s are
the states, and v/s are noise inputs. A;, B;, C;, D;, M;, N; are matrices of appropriate
dimensions. The N/s are assumed to have full row rank. Model (1.27) for i = 0
represents the normal system and i = 1 represents the failed system.

The models considered in [10] are in fact more general and allow for model un-
certainty, but here we only consider the additive noise situation. The assumption on

the noise inputs and the uncertainty on initial conditions are
4 T
S (2:(0), v3) = x:(0)" Py gta(0) +/ lvi|* dt <1, i=0,1. (1.28)
0

P, oy are positive-definite matrices specifying the amount of uncertainty in the initial
condition. S?(z;(0),v;) measures the size of the disturbances with respect to which
the detection must be robust.

Recall that the L2[0,T] vector function v is a proper auxiliary signal if its appli-
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cation implies that we are always able to distinguish the two candidate models based
on the observation of y.

In the two model case, noise is measured using a max norm. Recall the assumption
is that there is a normal model and a faulty model, which we refer to as model
0 and model 1, respectively. Assuming equal outputs the signal v is not proper if
max{||Sol|, ||S1]|} < 1. We want to find a minimal proper test signal.

The problem formulation for finding v is

min [|of]] min (max{{|Soll, [S1]1}) >

isLs

where the p;, x;(0) represent the noise from each respective model. However, max{||So||, ||.S1||}
is difficult to solve since noise is measured as a maximum noise. Therefore, we replace

it with an expression that is simpler to work with. The parameter 3 is introduced to
simplify the problem formulation and to get an LQR problem with maxo<g<; on the
outside of our expression.

Using the fact that
= 1 —
max{ |lzfl, 2]} = max Sl + (1 = B)ll|
and assuming yo = y; we can rewrite the problem formulation in the following manner

mm ||| min maX Soll + (1 = 0B)]|S1]] > 1. 1.29
| IH% e BlISoll + (1 = B) IS > (1.29)

We can switch the order of the minimum and maximum and can now rewrite (1.29)

in the following form:

min [[v]]| max mlf&))ﬁHSoH + (1 =0)5] =1. (1.30)
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Now we have an LQR control problem for a given . In fact, Equation (1.30) is an
LQR problem for each 3. We assume ( = %, which gives the expression 1||Sol| +
slISull > 1.

Definition 6. The auziliary signal v is not proper if there exists xg, x1, Vo, 1 and y
satisfying (1.27) and (1.28) both fori =0 and i = 1. The auxiliary signal v is called

proper otherwise.

If V' denotes the set of proper auziliary signals v,
T
* = inf ||v]|* = inf 2 dt 1.31
v = inf ol = ing [ (1.31)

is a lower bound on the energy of proper auziliary signals. \* = 1/v* is called the
separability index. A greater separability index implies the existence of a lower energy
proper auxiliary signal. The separability indez is zero when there is no proper auziliary
signal.

It is important to explain how to compute the separability index. The character-
ization of the set S, can be simplified by noting that the output y can be eliminated
from the constraints (1.27a)-(1.27b), ¢ = 0,1, by subtracting (1.27b) for i = 1 from
(1.27b) for i = 0, giving

0= C[)ZL'() - CllEl + N()l/o - N1V1 + (D() - D1>U. (132)
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To simplify the notations, let

and

My 0
D:<D0 —D1>7M: aN:(NO _N1>
0 M

Then the constraints (1.27a), i = 0,1, and (1.32) can be expressed as

r; = Ax+ Bv+ Mv (1.33a)
0 = Cx+Dv+ Nv. (1.33b)

The separability index A\* can then be computed as follows

A zorggécl/\g (1.34)
where
Op
A3 = max —— 1.35
8= ol (1:35)

subject to the constraints in (1.33) where

T
¢ﬁ:infx(0)TPglx(0)+/ v Jav  dt (1.36)
v,T 0
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and

I 0 1p 0
0 (1-p)1 0 mpl,o

Theorem 1.1 2. \s is the infimum over all X's for which the Riccati equation

P'= (A= S,sR, ;C)P + P(A— Sy3R, ;,C)" — PCTR; ,CP + Q3 — SxpR; 355 5
(1.37)
with P(0) = Pg has a non-negative definite solution P on [0,T] where the following

equation holds:

-1 T

Qrg Sip M B Jg 0 M B
—_ ) (1.38)

Sfﬂ Ry p N D 0 —AI N D
Once we have computed 3*, an optimal value of (3 in (1.34), and the separability

index \*, we can proceed with the construction of minimal energy proper auxiliary

signal v.

Lemma 1. The two-point boundary value system:

= = (1.39)
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with the following boundary conditions

x(O) = Pg*g‘(O) (1.40)
¢(r) =0 (1.41)
where
Qun = _QgQ
— A - S/\*”g*R;*l’ﬁ*C (142)
QlQ — Q)\*,ﬂ*R;’},ﬁ*S{*,B* (143)
Oy = C'R},.C (1.44)

is well-posed for T < T but it is not well-posed, i.e., it has non-trivial solutions (z, ()

fort=T.

Theorem 1.1 3. Let (x,() be a non-trivial solution of the two-point boundary value

system (1.39). Then an optimal auziliary signal is

v* = a((=B+ Sy Ry 5. D)'¢ + DTR} 5. C) (1.45)
where a is a normalization constant such that |v*|| = 1/v/ A*. Details on implemen-

tation issues and numerical algorithms in Scilab for computing the optimal auziliary
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signal can be found in [10].

In order to solve the optimal control problem it is essential to use our definition
of a proper detection signal v. Note that for the detection signal v to be not proper,

(1.27) must hold as well as (1.28). We can rewrite (1.28) as

T T
max{zo(0)" Py z0(0) +/ [voll?dt,  x1(0)" Py 1(0) +/ |vi]|?dt} < 1. (1.46)
0 0

This expression can also be written as

T T
s (3o 0)7 Fidan(0)+ | Pt (1= 3)ea O Prgan(0)+ [ Pty <1

(1.47)
In other words, max(Sy, S1) = maxo<g<1 350 + (1 — 5)S1. In the previous work done
on incipient faults, like [22], the maximum noise of the two models is considered, i.e.
max(Sp, S1) < 1. Thus, we obtain a useful characterization of not proper detection

signals based on the noise bound ;.

Lemma 2. The detection signal v is not proper if and only if

inf o (3(a0(0)" Pidaa(0)+ [ [sal)de+(1=3)(ar(0) PrganO)+ | o)y <1

0<p<1

(1.48)
where the infimum is taken over (z;,v;,y) € L* subject to (1.27), i =0, 1.

The above characterization is useful because the algorithm we develop will com-
pute the minimum energy proper detection signal by finding the detection signal of
smallest norm that does not satisfy (1.48) [22].

In this thesis we work with the sum of the noise from both the normal and faulty
models, Sy + 57 < 1. We find the smallest noise that works. Therefore, we use the

least noise that makes the output sets from the normal and faulty models disjoint.
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This noise allows the two output sets to be as close as possible without having a
common output y.

If the bound is max(Sy, S1) < 1, then it is possible to run separate filters on both
models which was the approach used in [11, 31]. However, in our algorithms we deal
with one less level of optimization so our use of the test signal is slightly different.
We suppose that we have a set of incipient faults parameterized by §2 and given by a

vector 06. We assume that the noise bound for each model separately is
0

Then we compute the test signal v* for a bound of 1 and let & = §v/2v*. Using this
test signal we have that if we get the same output from both the normal and any of
the faulty models, then one of the models must have noise S; larger than 62. We then
run the standard filter on just the normal model. More details on this method can
be found in chapter four.

In general, the § parameter requires an iteration to solve for it. However, in [31]
it is seen that when the single parameter incipient problem is reformulated so that
the machinery of [10] can be used, we find that 5 = % For the additive uncertainty
case studied here, the use of a fixed 5 € [0, 1] does not affect the existence of a proper
test signal. Consequently, the use of a fixed # may result in obtaining a suboptimal
proper test signal as discussed in [11].

From [11] we get some terminology that pertains to the § which is chosen. Proper
and minimal proper refer to the approach that uses a 3 search or an iteration to select
(. The terms subproper and minimal subproper refer to the method that uses g = %
Since a subproper bound admits a larger set of uncertainties, if v is a subproper signal
it is also proper.

The algorithms may take different forms, but there is a maximization over the
parameter 3 where 0 < 8 < 1. There is also an alternative problem, which resembles

a robust control problem, where there is no 3. We consider the case where (¢ = %
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1.4.5 Additive Uncertainty Case

This thesis focuses primarily on additive uncertainty. Consequently, the case
with only additive uncertainty differs from the model uncertainty case in several
important ways. First, if v is proper (or subproper), then taking cv for ¢ > 1 is still
proper (or subproper). In the case with model uncertainty it is possible for the A;
to grow in size as ¢ increases [11]. Since we consider models which include additive
uncertainty, we can establish an upper bound. However, due to our setup of the
multi-parameter incipient fault problem, a type of model uncertainty also arises in
our model formulation. See Sections 3.2.3 and 4.8 for a detailed discussion about how
model uncertainty is taken into account in our problem.

We have linear models of the form (4.1), (4.2) and we have the additive uncertainty
case. Let us assume v* and v* be the minimal proper and minimal subproper test
signals, respectively. Then, our cost function J satisfies J(v*) < J(v*) < 2J(v*). The

proof can be found in [11].
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Chapter 2

Discrete Time Case With One
Fault

As introduced in the previous chapter, our goal is to find an optimal input signal
that detects incipient faults in linear uncertain systems using a multi-model approach.
We construct two models. One model represents the true system, which we call the
normal model and one which represents the faulty version of the same system, which
we call the faulty model. The normal model depends on a parameter vector # and the
faulty model depends on parameter 6 plus drift parameter vector 66, where 6 is fixed
and the drift parameter 6 may vary within a specified threshold. In this chapter,
our focus will be on finding an optimal detection signal for the discrete time problem

with only one incipient fault so that € is a scalar.

2.1 General Model for Active Fault Detection

This chapter highlights the methods used in previous research to detect a single
incipient fault in discrete linear time invariant models. In particular, we look at some
examples of finding a minimal test signal v that satisfies given conditions and detects

the incipient fault as early as possible. This lays the groundwork for my research
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problem, which extends this concept to the case where there are multiple incipient
faults occurring simultaneously. These results are taken from [10, 30, 31, 32].

We present the first active multi-parameter incipient fault detection algorithm.
Our goal is to use an active approach to detect incipient faults in linear systems
where there is more than one drifting parameter. We determine an auxiliary signal
v that is used to detect small parameter variations in linear time invariant uncertain
systems.

Multi-model fault detection means that we have two or more possible models for
a given system. We consider a normal and a faulty model which corresponds to
a particular system. Then we determine a proper test signal that will allow us to
distinguish between the two models over a finite time interval. For the discrete time
case we consider the test period [0, K]. While there are other possible test periods,
we will restrict our discussion to a finite interval.

We assume that we have two linear time invariant models of the form (1.19) with
the variables defined the same as in chapter one. We begin by looking at a discrete
linear time invariant model, where A;,B;,C;,M;, and N; do not depend on k. However,
with appropriate modifications a similar method can be applied to study the linear
time varying model.

Note that in general the test signal v behaves in the following manner. If something
is done early in the time interval it can have an effect on the input v (i.e., the control
in our problem) that lasts for a while, but something done towards the end of the
time interval has little chance to have an effect on the control. As a result, the test
signal v usually is at or close to zero at the end of the time interval. If there is a
weight on the initial value, then the largest part of the test signal v tends to be early.
If there is no weight on the initial value, then v tends to be small at the start. If
the initial condition is unknown, then the control waits for the effect of the initial
condition to get out of the way and then acts.

The following problem is an example of calculating the optimal test signal using

the two model method.
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Example 1. We illustrate a specific example in the form (1.19) where we find the
optimal detection signal v* given A;, B;, C;, M;, N; for i = 0,1 and K. We use the

machinery developed by Campbell and Nikoukhah to solve this problem. Let

1 10
00201:(0 1),M0:M1: 7N0:N1:(0 0 1)7
010

and K = 7. The code for this example can be found in the appendix.

The solution is in Figure 2.1. Since vy, s two dimensional, vy, is two dimensional
for each k with components vy, v, at each time step. The resulting plot is a graph
showing two discrete time functions. The line segment connecting values are given to

improve readability.
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1 1 1 1 1 J
1 2 3 4 5 6
k

Figure 2.1: Test Signal v* with K = 7 for Example 1

2.2 Incipient Problem with One Fault

Before developing our multi-fault results we discuss the one fault case, which was

previously studied [14, 15, 31, 32]. The work done in [31, 32] give a solution to

the problem of auxiliary signal design using an on-line implementation of the fault

detector. These studies and other similar work provide insights into studying incipient

faults and helped motivate my thesis topic which extends this work to examine the

case where more than one fault occurs concurrently in linear models.

For the incipient problem we start with the normal model which depends only on

parameter 6

Teyr1 = A(G)wk+B(9)vk+Muk, k:O,...,K—l
Ye = C(e)'rk_l_N:ukv k:Oa"'7K7

and the faulty model which also includes parameter drift 66

Fepn = A+ 60)ip+ B0+ 00) v, + Mpy, k=0,... K—1
gx = C(0+00)d,+ Njy, k=0,... K.
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There are multiple ways to approach this problem and we study the first one.

Method I: Write (2.2) in the form (1.23) and develop the algorithms at this level.
This produces the optimal test signal for a specific 6.

Method II: Take (2.1) and (2.2) and proceed to get a system. Much of it has been
done in previous work which focuses on studying incipient faults. Here we use
linearization with respect to 6 and get a test signal that scales with the desired
threshold on 66. Then we write this system as some generalization of (1.23)

and solve it.

2.2.1 Method 1

Method I has already been done. We focus on Method II.

2.2.2 Method II

Suppose that we have our two models already in the form

' = X0+ HO) (2.3)
y' = X(0+660) v+ H(O+50)ut (2.4)

Setting y* = y° we get

0=X(0+00)v+ H(O+60)u' — X(0)v— H(O)u"

or

0= X'(0)60v + H(O)u' — HO)u’ + O(80).

Setting

w = 66v,
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and dropping the other O(d6) terms we get

Xo(O)w = [H(6), —H(0)]p, (2.5)

when Xy = X'(6). We can now proceed as before in Section 1.4.2. We take w* to be
L~ where o is the largest singular value of [H (), —H (#)]"X,(0) and 7 is a normalized
right singular vector that goes with o.

If (2.3), (2.4) come from (2.1) and (2.2) and we use the notation of (1.21), then

X(0) = C(O)E(0)B(O), H(O) = C(O)E () M() + N (2.6)

Using the fact that the derivative of Z7!is —Z71Z’Z~!, we have that we can get
X'(0) in terms of the simpler matrices.

In fact,

X' =C&'B-CcEEEB+CEB
where all terms are evaluated at 0.

Example 2. The following example illustrates Method II in finding the optimal in-

cipient test signal. Suppose

146 62 100
X)) =12+30 202|. H=101 0], 06=0.

?+6 1 0 01

Given X (0), X' (0), H(0),600,00, we compute w* as in (2.5). For 6§ = 0.1,0.5,1.0,

and 10.0 we compute the incipient detection signal U;'nc and the two model test signal
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* *

v*. w* is calculated in order to find v

*anc = %w*. We compute v* by looking at the
models with 6 and 6 + 00 and finding the test signal, which we refer to as the two
model method (Method I). The two model (standard) test signal v* and the incipient
test signal Ve 1€ compared by plotting them on the same graph.

For larger 60 the value of v* decreases and vy Just scales with different values
of 660. We find that it is possible that v* will change shape as 60 gets larger. Further,
as we decrease the value of 60 (the small error term) for the one parameter case, the

two lines that represent the standard test signal v* and the incipient test signal v’

me

are closer to being the same which was expected.
If there are no O(80), we have a model linear in 00 and v* = V50 We take
Ve = %w* (where the shape of w* is independent of 60 ). If the problem is linear in

0, then v* and U;nc should be close in value. However, if the problem is nonlinear,
then v* and Uch will not be close in value. Further, if X(6) is affine in 0, meaning

X(0) = Xo + 80X, for constant matrices Xo, X1, then we expect v* and v 1o be

the same for all 60. If X (0) is nonlinear in 0, we expect v* and vr . to be close for

n

small 66, but they may be different for large 0. See below for plots.
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Figure 2.2: v* and Ufnc when 66 = 0.1 for Example 2

Figure 2.3: v* and (L when 06 = 0.5 for Example 2
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Figure 2.4: v* and Uiknc when 06 = 1 for Example 2

Figure 2.5: v* and Ui*nc when 06 = 10 for Example 2
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2.2.3 Getting into the form (2.3) and (2.4)

Setting yx = g and combining (2.1) and (2.2) we get the constraints which state

what must happen to generate the same output.

Tpt1 — A(G)xk +B<9)Uk+M/Lk, k= 0,...,K— 1 (27&)

For convenience we let Q = Q(0) and Qp = Qy(#) for a matrix function Q). We let
T = T — Xp, 2 = 00T, U, = 00vy,
and (2.7) becomes
Ty = AT+ AgzZp + Boty, + Mjy — Mpug, k=0,....,K—1 (2.8a)

Zyy1n = Az, + B, k=0,...,K—1 (2.8b)
0 = Cﬂ_?k+C95k—Nuk+N,[Lk, kZO,,K (28C)

Lo
1 20 Yo
Z1 Ho 0o Yo
T = y M= /10 J 0= : y Y=
Ti : Vo1 YK
ZK UK gK
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Then, we get
I 0 0 00
0 1 0 0 0
—A —Ayp| I O
P 0O —-A|0 I

|

N

|

N

>
o ~|o o
~ o |lo o

0 0o -—-A
2K x2K
A M, O 0
0 A, M; O
Mi: )
0
0 0 0 M, 0
2K x2K+4

0 0 0
Ci 0 0
Ci=10 ;
0
0 0 Y/ 2K+2x2K
Ci N; O 0
N — 0 C; N;
0
0 0 0 i

2K+2x2K+4
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&; is invertible so we can solve and write the output as

y' o= C (& N(Bid+ M) + Nyt (2.9a)

This shows us that in the discrete time case we may assume that we have two

models of the form

y' = X0+ Hp', i=0,1. (2.10)

where X; = Cigi_lBi, H, = Cigi_l./\/lz- + N;. The solution to (2.10) gives an optimal

test signal v.
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Chapter 3

Discrete Time Case With Multiple
Faults

In studying the multiple incipient fault problem, we examine two cases: discrete
time and continuous time. This chapter focuses on the discrete time case. It provides
an introduction to the novelty of this thesis. Here we develop an algorithm to find a
solution to the multi-parameter incipient fault problem, specifically for the two fault
case and the three fault case. These results are presented in two papers written based

on the first results of this dissertation [16, 17].

3.1 Incipient Problem with Two Faults

Fault identification is important when a fault evolves slowly since the associated
loss of performance in a system can go unnoticed for some time. We begin by high-
lighting work that was recently published which gives an example of how to detect two
incipient faults in a practical system. In [45] an observer based method of estimating
the magnitudes of slowly developing faults in heating, ventilating, and air condition-
ing (HVAC) equipment was studied. This paper provides a method for estimating

the sizes of two types of incipient faults in a cooling coil subsystem. The two types of
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incipient faults considered are drift in the electronics controlling the position of the
valve actuator and air-side fouling of the coil. This work shows how to successfully
identify two types of incipient faults in a cooling coil system of an air-handling unit.
Note that nondetection for this particular case study could result in a reduction in
the cooling capacity of the coil and an increase in the energy consumption of the fan.

We now begin our development by introducing the multi-parameter fault problem
and presenting an active multi-fault incipient fault detection algorithm for more than
two faults. We begin by studying the case where two faults occur concurrently in
a system. Then, we focus on the problem where there are three faults occurring
at the same time in a given system. This chapter includes examples for each case.
The model and algorithms described in this chapter will allow for more than three
incipient faults to occur simultaneously.

We start with the simplest case which is the static one and we assume a model of

the form
y=X(0,0)v+H(®O, o). (3.1)

WY,
We let ¢ = (0, ¢) and §ip = <5¢> . The faulty model is

y =X+ o)+ H + op)u'. (3.2)

Taking the differences of (3.1) and (3.2) and dropping the error terms except for those

with v we get the following linearized system

Xp(1)d0v + Xo(¥)dgv = H()u" — H()p’. (3-3)

We could let w; = §0v and we = d¢pv and get a problem with two controls in it.
But this is deceptive since w; and w, are multiples of each other.

We may look at this point further later but let us consider alternatives right now
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that can get us closer to the one parameter case. One is that we suppose that
00 = andr, 0¢ = aaik. (3.4)

Next, we assume that o = (aq, ag) lies in some set 2 and 0k is a fixed value. Then

equation (3.3) becomes

(H'(Xpar + Xgon)) w = p (3.5)

where w = dkv.

We want to find a w that will allow us to detect incipient faults for any a €
2. One way to proceed is to fix w with [|w|=1. Then we minimize the norm of
HT(Xgal + Xyaz)w over a. We then maximize over the w to do the best possible.
We may then need to adjust the size of the test signal. This leads us to the following

expression. Let a*, w* be solutions of

¢ = ”m|<|5LX1 mig | HT (X + Xyon)w]|. (3.6)
wl||=1 o€

Then the test signal would be %w*. The optimization problem (3.6) can be challeng-
ing. Note that (3.6) is equivalent to

¢* = max min || H(Xya; + Xya0)w]|?. (3.7)

Jw|=1 acQ

There are a variety of different choices to make for €2.

One option is to suppose that 66 + d¢ = dk. This says that we are taking a
certain level of perturbation but not worrying about what variable causes it. But
then a; +ay = 1. In other words, given an interval IT we have Q = (5,1 —3) : § € I1.
There should be some bounds on how big IT is. One possibility is IT = [0, 1]. This is
sort of the convex hull of the two one parameter cases. That is, the case with just ¢

changing and the case with just 6 changing. We begin by looking at this particular
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case. Two examples of the incipient fault problem with two faults follow.

Example 3. As an illustration of how different the solution can be in the two param-
eter versus the one parameter incipient case, we first consider a simple illustrative
academic example where the calculations are straightforward. Suppose

246 —1+3¢
y = v+ Hopo. (3.8)

2 1

We take our model of the form found in (1.23), where Hy = I and I is a 2 X 2 identity
matrix. We assume that oy = €, 0 = 1—€ and 0 < e < 1. Without loss of generality,

we can take the nominal values of 0, ¢ to be zero. Then (3.5) is

For this example we can easily solve the optimization problem (3.6).
Before prceeding we note that if ¢ is identically zero, then this is the same as

taking € = 0 and we have the optimal test signal would be

W= . (3.10)
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According to (3.6) we must solve

(= ”m” Xlorglgl §Hewl + 3(1 — €)ws|. (3.11)

We have w? + w3 = 1. The inner min is over . We are then going to maz over the
w. Note that if ||w|| = 1, then for a particular value of wy,ws, there are four feasible
w with the same norm by using +w, and tws. We get a larger value of the min if the
signs of the wy,wo are the same. Then the inner min will be the smaller of wy, 3ws.
But when we take the maz over ||w|| = 1 this occurs when wy = 3wy and we get that

Now, it must be rescaled so that the right hand side of (3.9) has

3
%\/? “? -val |. (3.12)

V10

_ 3 _ 1
W= T W2 = g

norm one. Thus

—_

W=

We note that if we had a different set ), say one defined by af + a3 = 1 with (ay, as)
in the first quadrant, then the calculation shows that we get the same shape. That is,
the normalized vector w*, since again the argument is a balancing one. However, we
have to use a slightly larger multiple for a given parameter variation threshold. That
is because o2 + a3 = 1 allows for slightly larger uncertainty for (ay,as) away from
the origin, a1 = 0 and ay = 0 axis as shown in Figure 3.1.

In Example 3 the dependence on the parameters 0, ¢ is linear. This means that

there are no errors in the reformulation. The next academic example has the param-
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Figure 3.1: Example 3 a; + as = 1 (red) and of + a2 = 1 (blue) in the first orthant.

eters entering nonlinearly.

Example 4. Let

1+46 62
y=|2+3p—20 2¢*|v+ Hopo, (3.13)
06+ 1 1

where Hy is a 3 X 3 identity matriz. We assume that oy = €, a9 = 1—€e and 0 < e < 1.
We take the nominal values of 0,¢ to be zero. For a given €,0k, let v*(€,0k) be the

optimal test signal found with the two model method and v; c be the optimal incipient

n

test signal such that Vine = 5rW"
For more complex problems we can move directly to a general optimization code,

but for this example it is interesting to examine things more carefully. If we pa-

rameterize w by w = [cosz,sinz|T, then the graph of the value of the inner min in
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Equation (3.7) is given in Figure 3.2. We see that the mazimum of this minimum

occurs at x=0 (and also 7, 2x, etc.; it is periodic). Therefore, w = [1,0].

0.18

0.16F

0.14

0121

0.1}

0.08F

0.06

0.04

0.02f

Figure 3.2: Example 4 graph of the inner min in (3.7) as a function of x

Since the incipient test signal must cover a range of problems, we expect it to be
larger than just one test signal for a special case. We also expect that the incipient
test signal will more closely approximate the usual test signal for smaller 0. Figure
3.8 and Figure 3.4 illustrate this for 6k = 0.1 and 0k = 1. In each figure the test
signals are drawn as two dimensional vectors. The red one is Uznc' The black ones
are the standard two model signals for that 0k and e = 0,0.3,0.5,0.7,0.9,1.0. We see
that Vi U closer to the two model test signals when 0k = 0.1 in Figure 3.3 than

when 0k = 1.0 in Figure 3.4.
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Figure 3.3: Example 4 Ul and the standard test signals for 6k = 0.1 and € =
0,0.3,0.5,0.7,0.9,1.0

2.5

15¢ .

_O_ 1 L 1 1
0 0.5 1 1.5 2 25

Figure 3.4: Example 4 vl and the standard test signals for 6k = 1 and € =
0,0.3,0.5,0.7,0.9,1.0
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3.2 More Than Two Simultaneous Incipient Faults

This section focuses on the case where there are r concurrent incipient faults in a

system. For the incipient problem, we start with the normal model

1 = Az, + B@)vg + Muy, kel0: K —1] (3.14a)
ye = C(@)xp+ Npy, kel0:K] (3.14Db)
where 6 = (6y,...,60,)T is a vector of r parameters. Thus we allow r simultaneous

faults. Let 60 = (664, ..,0,)T be the vector of parameter variations. Model (3.14)

with parameter drift is

1 = A0 +80)z, + B+ 60)v, + My, kel0:K—1] (3.15a)

Again using the notation of 3.1 we can rewrite (3.14) and (3.15) in the static formu-

lation as

' = X0+ HO) (3.16)
y' = X(0+660)v+ H(O+50)ut (3.17)

Our goal is to determine the shape of a good test signal independent of the value of
00 and then be able to scale the test signal depending on the threshold with which
we wish to guarantee detection of the fault.

Setting y* = y° we get

0=X(0+060)v+ H(O+60)u' — X(0)v— H(O)"
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or

0= i Xp,(0)660;0 + H(O)p' — H(O)p" + O(86)

where Xy; = dX/df;. Dropping the O terms except for those with v, we get after a

little calculation that
> Xy, (0)30,0 = H(0)u' — H(0)p". (3.18)
j=1

We could let w; = 06;v and we could get a problem with r vector valued controls
in it. However, if we did this then all of the w; are multiples of each other. Again,
we address this by using a formulation that allows us to use the results from the one
parameter incipient case as a subproblem. Since we know that the w; are multiples

of the same test signal, we suppose that
0, = a0k, j=1,...,7r (3.19)

We assume that a = (aq,..., )7 lies in some closed, bounded subset 2 of R”
for a fixed dk. For detection to be possible, we need that 0 ¢ Q. Then the equation

(3.18) for the smallest i that results in equal outputs for a given a becomes
HY() 0 X, (0))w = pu (3.20)
j=1

where w = dxv and H = [H(0), —H (0)].

We want to find a test signal w that can be used to detect incipient faults for all
a € ). As we did with the two parameter case, one way to proceed is fix w with
|w|| = 1 and then minimize the norm of HT(ZZZ;[ a; Xp,(0))w over a € Q. That is,

we minimize over . Then we maximize over the w. We may then need to adjust the
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size of w. This leads to the following expression. Let a*, w* be solutions of

¢ = max min || "(a; Xy, (0)w)]]. (3.21)
j=1

w]|=1 acQ

Then, the test signal shape would be %w*.
There are a variety of different choices to make for €2 depending on the particular
application. Omne option is to suppose that Z;zl 00; = 0k. This says that we are

taking a certain level of perturbation, but not worrying about what variable causes

it. But then .
d ;=1 (3.22)
j=1
Another possibility is when
o, <oy <7 (3.23)

and at least one interval [a;, @;] does not contain zero. This formulation is attractive
for several reasons. For one, it leads to box constraints which many optimizer packages
are built to consider. Secondly, it has a natural interpretation in terms of each

parameter value falling into a certain interval.

3.2.1 Solving (3.21)

At first glance the optimization problem (3.21) may appear difficult to solve. In
fact, it can be quickly solved for small to medium sized problems as we will now
explain. We consider the inner minimization problem first. Suppose that we have a
given w such that ||w| = 1. Let b; = H' Xy, (6)w. Then the square of the norm inside
(3.21) is

1Y abill? =) i (3.24)
j=1

j=1 i=1
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where ¢;; = bl'b;. This is a positive semi-definite quadratic form over Q. There are a
number of fast routines for minimizing quadratic functions. If the region €2 is given
by (3.22) or by (3.23) with r = 2, then we get the minimization of a quadratic form
over box constraints.

The inner minimization is thus of a smooth function. For the outer optimization
in (3.21) the cost may not be smooth but there is the constraint |w|| = 1. One
could just use this constraint but many optimization packages prefer simpler box

type constraints. Suppose the w is K-dimensional. Using the usual parameterization

of the K-sphere we can replace ||w| = 1 by box constraints. The parameterization is
w; = cos(71) (3.25a)

wy = sin(7y1) cos(yz) (3.25b)

ws = sin(y;)sin(7yz) cos(7s) (3.25¢)

(3.25d)

wr—1 = sin(y1)...sin(yx—2) cos(Vrx—1) (3.25¢)

wrg = sin(y)...sin(yx-1), (3.25f)

where 0 <; <7 fori € [1, K —2] and 0 < vx_; < 27. Note that there is symmetry
to the optimization problem so that if w is optimal, then so is —w. Thus, we can

reduce the size of the optimization domain by taking

0<y<m i€[l,K—1]

as parameterizing w. The inner minimization is r dimensional, which is the total
number of incipient faults found in our system. Note that typically r is not a large

integer. The outer maximization is K dimensional.
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3.2.2 Using the Test Signal

Suppose that we have our test signal v and an observed output §. To use the test
signal we compute the norm squared of the smallest noise that makes ¢ consistent

with model zero (i.e., the normal model). That is,
p=[1H§(6)(G — Xo(O)v)|*. (3.26)

If p < 1 (which we consider small), then we do not detect the fault at the indicated
level. If p > 1, then we conclude there is an incipient fault. We can do this since we

assume the noise in both models is bounded by 1. That is,
K
Si = (@) Qi + > (i) i, < 1 (3.27)

and proper v is designed to produce disjoint output sets.

If the model equations are affine in 06, then there is guaranteed fault detection.
The only conservatism is in perhaps using a slightly larger test signal than is minimally
necessary due to our use of the two norm for the combined norm.

Two problems in which we solve for the incipient test signal when there are three
concurrent incipient faults follow. If the 06 enter in a nonlinear manner, then the
approximation error could possibly increase with the size of the parameter change.
This is similar to the incipient one fault case. Note that we are seeking to detect

incipient faults early or when they are still small. We start with an academic example.

Example 5. Let

2+91 _1+392
Yy = v+ Hp.

2 1+ 05

We take the nominal value 0 equal to a zero vector and H = I, where I is a 2 x 2
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identity matriz. Using the notation of (3.23) we assume 2 is of the form

0.5 < a; < 1.0, (3.28a)
0.1 < as <0.5, (3.28D)
0<a;s<0.1. (3.28¢)

We know that if w is optimal, then so is —w. Therefore, it suffices to parameterize

half of the w sphere. Using the sphere parameterization (3.25), we have that

\/Lil a1 30 cos(7)
q(w,a) =

—\%[ 0 a3 sin(7y)

where 0 < v < 7 and we solve

o . o . 2
Jnin —min [lg(w, o)]*

Figure 3.5 is a graph of the inner minimum as a function of v. The outer opti-
mization gives the mazimum of v as 0.17 at x = 0.5407. Note that the plot for the
three parameter case (Figure 3.5) is highly asymmetrical unlike the inner min for the
two parameter case (Figure 3.2).

Figure 3.6 compares the incipient test signal (in red) and the standard two model

test signals (in black) for several values of o € ).
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Figure 3.5: Example 5 inner min as a function of ~
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Figure 3.6: Incipient test signal (red) and two model signals for several values of «
(black) for Example 5
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Example 6. Suppose

1 h 0 1 10
Thy1 = T + v+ e, k=0,...,K—1

—hsm —hmd hm 010

Ye = <O 1>Ik+(0 0 1>uk5, k=0,..., K.

To illustrate the use of this approach we consider the discrete system above. Note
that My = My, and No = Ny. This problem is actually the Fuler approximation of a
mechanical system with damping coefficient d, spring constant s, mass %, and h as
the step size. The output yy is the position of the mass. Note that the parameters
enter nonlinearly.

We assume that the normal values are 0y = m = 2,050 = s = 12,03 =d = 0.2. This
1s a lightly damped mechanical system with eigenvalues 0.4600 + 0.8176¢ and modulus
0.9381. We assume that we want a test signal that is guaranteed to determine a fault
has occurred where the fault condition is 01 + d6, € [0.9,1.1],05 + 605 € [8,10], and
05+ 0603 € [0.4,0.6]. Therefore, 60, € [—1.1,—0.9], 56, € [—4, —2], and §65 € [0.2,0.4].
Using the nominal values and the incipient fault condition, we can conclude that there
has been a change or there is uncertainty in the mass, the spring has weakened, and
the friction has increased due to say a break down in lubricant. We can take dk = 1

and then a; = 66;. For this example, we take h = 0.2 and K = 5. Our set ) is now a
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rectangular box that does not include the origin. With these parameter values we get

18.2136
—8.6901
Ve = | —2.8236 | - (3.30)

0.0485

30

0 0.5 1 1.5 2 25 3 3.5 4

Figure 3.7: Incipient test signal (red) and two model signals for several a (blue) for
Example 6

Figure 3.7 shows the incipient test signal in red and the two model test signals for
the values of o at the corners of Q). Since the noise is symmetric about the origin we
have that —v is proper if v is proper. To better compare the incipient and two model
test signals we have plotted the negative of the incipient test signal in Figure 3.7. It

should be noted that the parameterization (3.25) can create artificial local minimum
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when using the numerical optimization code. For example, the parameterization has
0 < v < 7. However, if the actual optimum appears at say %171' and %ﬂ', and we use
0 < v < m, then depending on the initial guess chosen, the optimizer might go to
v1 = 0. In fact, this happens with this particular example. This was easily overcome

by giving wider bounds on the ~v; when the optimizer is called.

3.2.3 Conclusions for the Discrete Time Case

When considering incipient faults the usual assumption that there is only one
fault happening at a given time is no longer always appropriate [31]. In this chapter,
we have begun the examination of an active approach for incipient fault detection
when there are more than two faults in the discrete time case. As with some of the
earlier results [15, 31, 32, 33] we specify a threshold and guarantee detection if some
combination of the uncertainties exceeds that threshold.

For the discrete time case, Ui*nc covers a range of problems so we expect it to be
larger than just one test signal for a special case. For smaller dx, vi‘n o 18 closer to the
solution of the two model test signals.

The problem to be solved is a min max problem. In principle this can be solved
by software. However, more efficient algorithms are needed for higher state dimen-
sions and longer time horizons. Developing these more efficient algorithms is under
investigation.

In previous work done by Nikoukhah and Campbell, finding a test signal in the
presence of model uncertainty was carried out with a reformulation that led to a new
optimization problem which added the uncertainty to the noise [31]. The approach
of this section has provided an alternative approach to including some types of model
uncertainty when the faults are incipient. In the use of the ideas of this section
some parameters are treated as faults and some of them as model uncertainties. The

difference is that if the jth parameter is uncertain, then we have 0 € [o, @;] and if
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the jth parameter is incipient, then 0 ¢ [a;,@;]. This approach to test signal design

in the presence of model uncertainty is a topic for further study.
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Chapter 4
Continuous Time Case

This chapter focuses on the continuous time case. The model is similar to the
discrete time case, but the approach for solving it is different. We begin by con-
structing the model problem and using the information from the discrete time case
that is relevant. Then we proceed by adding new details necessary to find a solution
for the incipient detection signal for continuous time models. The results from this

section are highlighted in [18].

4.1 Continuous Time Two Model Version

For the continuous time case, we want to recapture the essence of what was done
in the discrete time case. We begin in a similar way, but now the model includes
two ordinary differential equations. We examine this model by setting up a linear
quadratic regulator (LQR) problem.

Here, like in the discrete time case, we start with a multi-model approach on a

finite time interval [0,w]. We assume we have two ode models of the following form:
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yi = Cizi+ N, (4.1b)

which is the continuous analog of (1.19). For the above model, the i indicates model 0
or model 1, where model 0 is considered the normal system and model 1 is considered
the faulty system. Again x; is the state, v is the test signal, and p; represents the
additive uncertainty in the model. The commonality between the two models is the
detection signal, v.

The initial state x;(0) and noise p; are unknowns in each model. Let B; be n x m.
Thus, each x; is n x 1 and v is m x 1. Suppose each y; is r x 1. Note that the x; could
have different sizes m;. That is, the state dimension could be different for model 0
and model 1, but we will ignore that for now since this does not occur in the incipient
case.

We consider x, to be additive uncertainty. In the approach of [10], it is assumed

that the uncertainty in each model is bounded by

S,(24(0), 1) = 2:(0)",(0) + / SO d <1, =01 (42)

where (4.2) is actually an inner product norm on (z;(0), ;) and the bound of 1 is
taken for convenience. Scaling of M; easily accommodates other bounds. Note that

bound (4.2) is the continuous analog of (1.20).

4.1.1 Proper v

Once the noise is bounded we can consider the outputs of the models. For now
suppose A;(v) is the output set of model ¢ for ¢ = 0 and 1. The detection signal v is

called a proper test signal if Ag(v) N A;(v) = 0. This means that there is no output
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y that can come from both the normal model and the faulty model. Our goal is to
get a proper signal so that we can distinguish between the two models of the system
like we did in the discrete time case.

Suppose L(f) is the solution of the following ode with the given initial condition
Z=Az+f, 2(0)=0 (4.3)

and define it as

L(f) = /0 A (1) dr. (4.4)

Then, the solutions to the set of equations in (4.1) are

where (C;L;B;)v = Ly(v) is a fixed function that is linearly dependent on the test
signal v. In fact, L; is a linear transformation of v and Cyea;(0) + (C;LiM; + N;) s
is a linear transformation from (x;(0), i;) that maps into y-space. Notice that the set
of (z;(0), ;) satistying our noise bound (4.2) is convex and bounded by 1 in the S;
norm. Therefore, when a continuous linear transformation is applied to this bounded
and convex set, the new set is also bounded and convex.

Recall how we distinguished between the normal and faulty models in the discrete
time case. We found a proper detection signal, which separated the output sets of
the two models, i.e. the normal and faulty output sets were disjoint. In order to show
this, here again we assume that we can get the same output from both models, that
is, yo = y1. However, if this were true, then the noise bound would be violated since
proper v ensures that the output sets are distinguishable.

Recall our assumption is that the noise in each model is bounded and we assume

that (4.2) holds. Hence, if (x¢(0), z1(0), o, 111) satisfies the models and v is a proper
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detection signal, but an output y is still in both output sets, then it must be that

max(Sy(zo(0), to), S1(z1(0), 1)) > 1. (4.6)

This must be true for all possible (zg, o, 21, 1) which satisfy the models but do not
have distinct outputs. Thus, it is enough to ensure it is true for the minimum of
them. In this problem min max = max min so we get the same result even when we

switch the order. Therefore, we can take

min max(So(zo(0), o), S1(1(0), p1)) > 1. (4.7)

Lqyi

This is the classical setup.

As stated in chapter one we use Sy + 57 < 1 as our noise bound. This noise bound
has the advantage that the perturbations are measured by a single inner product
norm. This type of constraint makes the problem look more like a robust control
problem [11]. This allows the use of robust control theory which is a method for
measuring the performance changes of a control system with changing system param-
eters. In developing the continuous time case the previous work used 3 and a switch
in the order of the maximum and minimum to get a problem that resembles an LQR

problem.

4.2 Multi-parameter Incipient Fault Setup

There are several ways to generalize our previous results from the incipient fault
problem in the discrete time case. There will be a number of changes as we begin to
study the continuous time case. However, we want to recapture the essence of what

we have already done:

e For a given detection signal v and parameters, we want to find the worst fault.
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This is a minimum problem to find the smallest noise that works. Using an
LQR with a fixed end z(0), we then minimize over the endpoint z(0) [Inner

Problem];
e With v fixed, we find the minimum over the parameters;
e Then we maximize over v.

This approach can be done two ways. It can be done with a scalable incipient
fault level like the dx we had before, which is based on linearizations. It can also be
done for a certain set of d6. In the discrete time case we did the former. Here we do
the latter so there are no linearizations involved in our work for the continuous time
case.

The normal model used to represent the behavior of a system subject to incipient

faults can be expressed as follows:

' = A(0)r+ BO)v+ Mu (4.8a)
y = C(f@)x+ Nv. (4.8b)

Notice the change in the notation. Before we had a big noise vector p that appeared
in both equations (i.e., the ode and output of the ode). Now, we have a different
noise in each equation. This actually allows for more noise, but more importantly,
we now have N as an invertible matrix which will be useful later. This is the more
general case since it allows all output channels to have noise.

For the continuous time problem we are on the time interval [0,w]. 6 = (04,...,6,)"
is a vector containing r parameters used for either the incipient parameters or model
uncertainty or both. Thus, we allow r simultaneous faults. Let 60 = (664,...,00,)T

be the vector of r parameter variations. We refer to 06 as a slow drift in the parameter
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over time. The model with parameter drift 66, which we call the faulty model is

¥ = A(0+060)F+ B0+ 50w+ Mf (4.92)
§ = C(0+00)i+ Nb. (4.9b)

One goal is to determine the shape of a good test signal independent of the value of
00 and then be able to scale the test signal depending on the threshold with which
we wish to guarantee detection of the fault.

For proper v we assume that the noise measure is
S = 2(0)"2(0) + 2(0)72(0) + / viv T u+ 0"+ ptpdt < 1. (4.10)
0

So we write this as

S(x(0),z(0), v, 0, pu, 1) < 1. (4.11)

For a given v we derive the smallest noise that results in equal outputs for all §6.
That is, we determine our cost function J = min S assuming the output from the
normal and faulty system models are equal. We start by minimizing over the free
endpoints z(0), 2(0). With this formulation we will be able to use the results from the
one parameter incipient case as a subproblem for the multi-parameter case. Note that
we do not need to calculate p and v explicitly. The noises are a mix of uncertainty;,
disturbances, and noise. Equation (4.10) merely states that we assume some bound
on this noise. Given this bound we construct a test signal that will work as long as
our assumption on the noise level is correct.

Note that (4.11) is not identical to the noise bound used in earlier work such as
[10]. There is a maximum over separate norm bounds for each model which is used
to compare the overall noise bound. Then, this max is replaced by an equivalent max
using the parameter 3. Recall that in the incipient approach of [31] the parameter
B = 3. With 8 =1, the noise bound of [31] is twice that of (4.11). Thus, (4.11) is
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related to the earlier work and simplifies our algorithms since we deal with one less
level of optimization. However, it will require some other modifications such as in
how we use the test signal to perform a test. This will be discussed further later.

Recall that a test signal v is proper if we use v and we get the same output
from both (4.8) and (4.9) then we must have a violation of our noise bound (4.11).
Meaning, with proper v it is impossible to get the same output from both models.
We want the smallest such v. A variety of norms can be used depending on the
application [10]. Here we use the L? norm of the detection signal v. It is important
to note that if we start with a v and then compute the smallest noise that produces
the same output from both models, say the amount of noise is o, then due to the
linearity of the systems we study \/LE would be proper.

The closer the faulty model is to the nonfaulty model, the larger the test signal
must be. However, practical considerations will limit how large a test signal can be,
but this is similar to many other results in control theory. Controllability means we
can steer from point a to point b, but if the time interval is too short then the control

may not be practical.

4.2.1 Multi-Parameter Case

We assume the possible perturbations 86 lie in a set € that does not include the
origin. In particular, recall that in chapter three the w; = 66;v are multiples of the

same test signal so we suppose that
00, = a0k, j=1,...,7 (4.12)

We assume that o = (o, ..., ) lies in some closed and bounded subset  of R
for a fixed dx. For detection to be guaranteed, we need that 0 ¢ €. Since 2 is closed
and bounded and in a finite dimensional space, if 0 € {2, then 0 must be a positive

distance from . Computational algorithms usually also require that €2 is the closure
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of its interior.
Now we need to derive S(v,d6), which is the smallest noise that results in equal

outputs for a given v. This means we need to solve the following problem:

min S((0), &(0), v, 7, 1, 1) (4.13)
subject to
¢ = A@)z+ B(@)v+ Mu (4.14a)
@ = A +0)i+ B+ 00)v+ Mp (4.14b)
0 = CO)x+Nv—C(O+0)t — Nv (4.14c¢)

with v known and fixed. Also, the §6s are bounded. We get (4.14c) by taking the
output from the normal and faulty models and equating them. Also, note that since
N is invertible, we can use (4.14c) to eliminate v or © from both (4.13) and (4.14).
Then, (4.13) and (4.14) become a type of LQR problem. Once the smallest noise
S(v,00) is determined we need to minimize over §6 and maximize over v. Finally, we

get a value S,, which is used in our calculation of the optimal proper test signal v*.

4.3 Continuous Time Inner Min LQR Problem

In this section we discuss how to solve the inner minimization problem. The
algorithm for finding the test signal and the model used to solve the optimization
problem are highlighted. We build on the results found here in Section 4.4.

The following is the setup for the inner minimization problem. We shall give both
the formulation of a general control problem and our particular control problem. We

start with the general control problem.
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4.3.1 General Control Problem

Before we get to the specific control problem we will solve, we first review a
formal derivation of the necessary conditions for a general optimal control problem.
The problem formulation and solution highlighted in this section come from [26]. The

general form of the model is
¥ = f(z,u,t), t>tg (4.15)

with ¢y fixed, which means the system model depends on the state x(t) € R", control

input u(t) € R™, and time ¢. With this system let us associate the performance index

Jw) = é((T),T) + / Lz, u, t)dt, (4.16)

to

where [tg,T] is the time interval of interest. The final weighting function ¢(z(7"),T)
depends on the final state and final time and we want to make this function small.
The weighting function L(z, u,t) depends on the state and input at intermediate times
in [tg, T]. The performance index, which we will also refer to as the cost function, is
chosen to make the plant (system) result in a minimum payoff.

The optimal control problem is to find the input w*(¢) on the time interval [to, T
that drives the plant (4.15) along a trajectory x*(¢) such that the cost function (4.16)

is minimized and

U(x(to), to) = 0 (4.17)

for a given function ¢ € R?.
To solve the continuous optimal control problem, we use Lagrange multipliers to
adjoin the constraints (4.15) and (4.17) to the performance index (4.16). Since (4.15)

holds at each [to, 7] we require an associated multiplier A(¢) € R"™, which is a function
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of time. Since (4.17) holds only at one time, we require only a constant associated

multiplier v € RP. The augmented performance index becomes

J = ¢(z(T),T) + v (x(T),T) +/ [L(z,u,t) + \()(f(z,u,t) — 2))]dt. (4.18)

to

Let us now define the Hamiltonian function as
H(x,u,t) = L(z,u, t) + A f(z,u,t), (4.19)

then we can rewrite (4.18) as

J = ¢(T), T) + v (T, T) + / [H(x,u,t) — A\Ta")]dt. (4.20)

to
Using Leibniz’s rule, the increment in J’ as a function of increments in x, A\, v, u, and

t is

= (¢ (T))dz(T) + (¢(T)A(T) + (v" o (T))d(T) + 3 vdT + 9" (T)dv (4.21)
+(H(T) = N (T)2/(T))d(T) — (H(to) — A"/ (to))d(to)

T
HT(Sx + HIou — \T62" + (HY — 2'7)5N\]dt.

To eliminate the variation in 2/, integrate by parts to see that

— /T Mo/ dt = —NT(T)6x(T) + N (to)dx(to) + /T Nz dt. (4.22)

to to

By substituting (4.22) into (4.21) we get terms at ¢ = 7" dependent on both dx(t) and
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dz(T'). We can express dz(T') in terms of dz(t) and dT" using
dx(T) = éx(T) + 2'(T)dT.
The result after substitution is

dJ' = (¢L(T))da(T) + (Yfv)da(T) — Ndx(T) + (¢(T))d(T) (4.23)
+(/ (T))dT + H(T) + 1 dv — (H(to)d(to) + A" dx(to)

T
+/ [HI52 + N0z (to + HEdu + (HY — 2/7)oN]dt.

to

According to the Lagrange Theory, the constrained minimum of J is attained at
the unconstrained minimum of J’. This is achieved when dJ = 0 for all independent
increments in its arguments. Setting the coefficients of the independent increments
dv,dx,du, and O\ to zero yields necessary conditions for a minimum. In most texts
for the applications highlighted, t, and z(¢y) are both fixed and known so that dtg
and dz(ty) are both zero. The two terms evaluated at ¢ = ¢, in the above equation
for dJ' are therefore automatically equal to zero.

In order to determine the optimal controller we need to determine the Hamiltonian,
state equation, costate equation, stationarity condition, and boundary condition. The

Hamiltonian is defined in (4.19). In general the state equation is

OH
¥=———=1f t>1. 4.24
o = 12t (4.24)
The costate equation develops backward in time, which in the continuous time

case amounts to making the rate of change (i.e., \') negative. The costate is also

referred to as the adjoint to the state equation. The general form of the costate
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equation is

. OH  ofT aL
— = e— D e— _— < . .
N=—— =" A+ t<T (4.25)

The stationarity condition is written as

_OH 9L 9f"
0= =7+ - (4.26)

The boundary condition given z(t) is given by the following equation

(&3 (T) + 0" u(T) = N(T))do(T) + (6o(T) + ¢ (T)v + H(T))dT = 0. (4.27)

4.3.2 Our Particular Problem

System Model

We have the time interval [0, w] and the following equations:

' = A@)x+ BO)v+ Mpu (4.28a)
¥ = A0+ 0): + B0+ 60)v+ Mf (4.28b)
0 = Cl)xz+ Nv—C(0+00)z — Nb. (4.28¢)

The state is represented by x and z, v is the test signal, and p, [, v, and © represent the
additive uncertainty in the models. The only commonality between the two models
is the detection signal, v, which is known and fixed. xy,Z( are unknown. However,
we will first assume xy and Z( are fixed and take the min over them. u, i, v, and
are all controls (noises in this setup) and are unknown. To simplify notation we let

Xo = X(0) and X; = X(0 + 00) for X = A, B,C, where subscript 0 corresponds to
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the normal model and subscript 1 corresponds to the faulty model. Therefore, we can

rewrite (4.28) in the following manner:

¥ = Apx+ Bov+ Mp (4.29a)
0 = Cox+ Nv—Ci2— No. (4.29¢)

Note in our problem we actually have multiple controls pu, ji,v and . However, we
will later eliminate v and  in the cost function so we will be left with only two vector

controls p and fi.

Cost Function

Our performance index for the optimal control problem is represented using the

following equation:

J(u) = ¢(x(t0),t0)+/ L(x,u,t)dt. (4.30)

to

In most texts ¢(z(T"),T) is used, but in our application we have ¢(z(ty),to). Before

any simplification our cost function is
J = min{x(0)"z(0) + 2(0)72(0) + / viv+ 0o+ + p pdt}. (4.31)
0

In order to reduce the number of unknowns in the problem, we start with (4.29¢)
and solve for 7 in order to eliminate 7 from J by replacing it with its substitution,

which is in terms of x, Z, and v. Start by adding N7 to both sides of (4.29¢) to get
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Now we multiply each term by N~! and use substitutions C; = N~1C; and él-T =
CIN=T i =0,1. Then (4.32) reduces to

v = v+ Cox—Chi (4.33)

since N7t N is just the identity matrix and (N~!)T = N~T. However, we can rewrite

(4.33) as

v = v+Cxz, (4.34)

~ T
er— [ © ("
—élT ) 4 .

Then (4.34) is substituted into (4.31) to get (4.35). Once we simplify and replace v

with

with its substitution our cost function can be written this way:

w

J = minz(0)"2(0) + / (whw + v v+ (v + C2) (v + Cz))dt,  (4.35)

-()

Equation (4.29¢) has now been eliminated. The constraints are just (4.28a), (4.28b).

where

Note that v does not appear in the constraints. Thus we can minimize the v term in

J directly. Differentiating (4.35) with respect to v we get

v = —=C-z. (4.36)
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Now, the cost function becomes the minimum of

J = 2(0)72(0) + / (whw + v+ (v + C2)T (v + C2))dt
0
= 2(0)72(0) + / (whw + %zTCN’TCN’Z + }lzTCN’TCN’z)dt
0

= 2(0)72(0) +/ (whw + %zTéTéz)dt.
0

Now, we have our cost function in terms of only two unknowns p and i and we

represent them using vector w. The combined system can be written in this way:

© 1
J = minz(0)"2(0) +/ (w"w + EzTQz)dt, (4.38)
0
where o o
o Cy C —Cy C
Q=CTC=|( L, 3.
-C, Cy C1 4y

and () is a positive semi-definite symmetric matrix.

Our problem no longer has a state constraint.

4.3.3 Optimal Controller

Hamiltonian

The general form of the Hamiltonian for the combined system is

H(z,w,t) = L(z,w,t)+ A f(z,w,t). (4.39)

Before eliminating the control variable v and simplifying the Hamiltonian expres-

sion we want to solve for v using the stationarity condition, H, = 0. Before any



Chapter 4. Continuous Time Case 77

simplification,

H = ,MT/L + /AlT,ll + 21/TV + $T60Téo$ — JAJTCA&TCA’().T + VTéo.]? — I'TCAYOTCHHAT + i'TélTél.f}
~ ~ T ~ T
—TCa+27Cy v — 370y v+ A (Agz + Bov + Mp) + M (A3 + Biv + Mf).

Then using our stationarity condition
0=H, =47 +2:7C," —2:7C," (4.40)
which implies that
0 = 4 42.7C7, (4.41)
When we solve for v we get
v = —=Cz. (4.42)
For the combined system we assume

Ay O x - M 0 1 By
A= , 2= , M= , W= , B= :
0 A T 0 M il By

Once we combine the normal and faulty systems into one big system and simplify, we

get this Hamiltonian equation:

1 .
H = wlw+ ézTQz + M(Az + Mw + Bo). (4.43)



Chapter 4. Continuous Time Case 78

For linear time invariant systems and cost functions, the Hamiltonian is constant.

Therefore, H = 0. The general form for the time derivative of the Hamiltonian is

H =H+H'Y + H'w + N f = H + H w' + (H, + N)T f. (4.44)

Note that if w(t) is an optimal control, then H" = H;. Since H; = 0 our expression

becomes:

H = HIw +HIf+)NTf, (4.45)

which gives

H = 20Tw + N'Muw' + 2"Q(Az + Mw + Bv) + N (Az + Mw + Bv)(4.46)

State Equation

Our combined system model can be written in the following manner:

2 = Az+ Mw+ Bu. (4.47)

Costate Equation

N o= —QTz— AT\ (4.48)
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Stationarity Conditions

For our problem, v is fixed and in our reduced problem our control variable is

vector w. Thus, we write the stationarity condition in the following way:

0=H, =2uw" + \TM. (4.49)
This implies that
Lo

Boundary Condition

Given (4.15)-(4.30) we can derive our boundary conditions for this problem. We

start with the augmented performance index:

J = ¢(2(to), to) + &(2(T),T) + / [L(z,u,t) + \T(8)(f(z,u,t) — 2)]dt.  (4.51)

to
Then if we define the Hamiltonian as in (4.39) and J’ becomes

T

J' = ¢(z(to, to) + ¢(2(T),T) +/ [H(z,u,t) — \2")]dt. (4.52)

to
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Using Leibniz’s rule, the increment in J' as a function of increments in 2z, \, v, u, and

tis

dJ' = (¢, (to))dz(to) + (¢r(to)d(to) + (¢-(T))d=(T) + (¢(T))d(T) (4.53)
+(H(T) = X(T)2(T))d(T) — (H(to) — N2/ (to))d(to)

T
+/ [HI 6z + HI ou — \T62' + (H{ — 2")6\]dt.

to
To eliminate 2/, integrate by parts to see that

— /T M52 dt = —NT(T)oz(T) + N (to)dz(to) + /T NT§zdt. (4.54)

to to

Then,

dJ" = (97 (to) + A" (to))dz(to) + (¢e(to) — H(to))dto + (¢2 (T) — N'(T))d=2(T) (4.55)

+(¢(T) + H(T))dT + / [(HT + N6z + HE ou + (HY — 27)5N\dt.

to

Based on this derivation we get the initial and terminal boundary conditions for
the LQR problem. By Lagrange theory, the constrained minimum of J is attained at
the unconstrained minimum of J’. This is achieved when dJ’ = 0 for all independent
increments in its arguments. Setting dv = 0,0z = 0,0u = 0, and JA = 0 yields the
necessary conditions for the minimum as shown above. Since ¢, and T are fixed,
d(tp) = 0 and d(T) = 0. Therefore, the terms with those values in it drop out.
However, dz(ty) and dz(T') are free. There is no ¢ in this problem so those values are
zero. Further, ¢(T') = 0, but ¢(ty) is not zero. So once we get rid of the terms that

drop out, we can rewrite dJ’ as

dJ' = (¢;(to) + A" (to))dz(to) — N'(T)d=(T). (4.56)
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Recall our time interval is [0,w]. We are also given z(0). We find the initial

condition by evaluating

(¢2(0) + AT(0))dz(0) = 0 (4.57)

and dz(0) = 0 since z(0) is fixed. Therefore, ¢*(0) + AT(0) is free.

However, if z(0) is not given, then

(67 (0) + AT(0)) = o. (4.58)

By doing some algebra and taking the transpose of every term

A0) = —¢:(0), (4.59)

but based on (4.50), we know ¢.(0) = 2z(0). Therefore,

A0) = —22(0). (4.60)

The term that is left gives us the terminal condition. To find the boundary condition

at the final time, w, we use

~M(w)dz(w) = o. (4.61)

dz(w) is free and if we transpose the remaining term we are left with

Aw) = 0. (4.62)
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Our boundary conditions when z(0) is not fixed are:

A0) = —22(0) (4.63)

where A\(w) has the same dimension as z.

4.4 Solving the Inner Minimization Problem

Based on the solution to the optimal controller found in Section 4.3 we get the set
of vectors and matrices found below, which will be used to solve the inner optimization
problem. Note that we want to find the worst fault of the LQR problem for one big
system, which includes the set of equations for the normal and faulty models. We

need to minimize the cost function J in Equation (4.65).

Let . .
x 1% COCO _CO C(1

= (7). w= ("), o= 00 TR,
Z i -C1 Gy Cp Oy

Ay O ~ M 0 By
A= . M= ., B= .
0 A1 0 M Bl

There are two approaches for solving the inner minimum problem. In Sections 4.4.1

and 4.4.2 we outline each approach.

4.4.1 Approach I

Using this approach we temporarily fix z(0) and that gives us that dz(0) = 0. We
use LQR theory to solve the minimization problem. Then, we perform another layer

of minimization with respect to z(0).
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Inner Optimization Problem - Original Problem in the Lewis Form

Based on the work presented in Section 4.3, we begin with the following cost
function and state equation which were found by determining the solution to our

optimal control problem:

J = minz(0)"2(0) + /Ow(wTw + %ZTQZ)dt (4.65)

Y = Az+ Bv+ Muw (4.66)

The cost functional in equation (4.65) is the minimum over z(0),w such that (4.66)

holds.

Solution

In order to determine the solution for the optimal control w, we want Equation
(4.65) in the form of the continuous linear quadratic tracker problem. The control
input is an affine state feedback, i.e., it consists of a linear state feedback plus an
additional term. Let r(t) be the reference track. The additional term depends on the
output u(t) of the costate of the closed-loop plant when driven by r(¢). Note that
without the fixed function Bv in our system, our problem is like the regular LQR

problem, except M is the coefficient matrix for our control instead of B. Assume
r'= Ar + Bv, r(0)=0. (4.67)

Let
(4.68)

I
|

w
|

<
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Then,

7 o= -7 (4.69)
— Az+ Bv+ Mw— Ar — B
= Az — Ar+ Muw
— Az + Muw.
Now (4.65) can be rewritten as
“1
J = min(2(0) + r(0))"(2(0) + r(0)) + / 5(2 +7)7Q(z + 1) + wlwdt.(4.70)
0

This optimization is done in two stages: inner minimization with fixed z(0) and outer
optimization over z(0). Note that z(0) is now fixed and z(w) is free. We want z(w)
close to zero at the final time since r(w) = 0.

Following Table 4.1-1 in [26], P > 0,Q > 0, R > 0 are all symmetric matrices.
Also, K is the Kalman gain matrix, (4.71b) is the Ricatti equation, and w is our

control. The optimal affine control in terms of time ¢ is given by:

K(t) = R'MI(t) (4.71a)
I = —ATII—-TMA4+TOMR'MTII - CTQC, T11(0) = CTPC (4.71D)
W o= (—A+MK)"u—C"Qr, u(0)=C"Pr(0) (4.71¢)
w = —Kz+ R 'M"u. (4.71d)

Note that here control is actually the smallest noise given the same output.
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Change of Variables

In the continuous time case, the Ricatti equation must be integrated backward.
Most integration routines run forward in time so we convert the Ricatti equation into
an equation that is integrated forward. To put this into a more standard form we

perform a change of variables and let 7 = w — ¢t. Then since w is a fixed value,

dr = —dt.

Now we assume

r"=—Ar — Bv, r(w)=0, (4.72)

where we know what we want our reference to be at the final time w.

Let

Z=z-—r (4.73)
Then,
= 2= (4.74)
— —Az— Bv— Mw+ Ar + By
= —Az+ Ar — Mw
= Az — Muw.

The cost function in terms of the final time

J = min(z(w) +rw)" (Z(w) +r(w)) + /Ow %(2 +)7Q(Z + 1) + wwdr(4.75)
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Since r(w) = 0 we will replace (4.75) by

J = minz(w)"z(w) + /Ow %(Z +7)7Q(z + 1) + whwdr. (4.76)

For the remainder of this section z will be in the new variable 7 as will all differ-
ential equations and derivatives. Note that z(0) and z(w) are both free. We shall fix
2(0) and then reformulate to get a standard problem. Then given the solution of the

standard problem we will minimize over z(0).

Solution to Optimal Control

Again using Table 4.1-1 in [26] and simplifying based on our system we follow
the form in [26] P = 2I,R = 2I, and C = [, where [ is an identity matrix of
appropriate dimensions. The optimal affine control can be found using the following

set of equations:

1

K(r) = —§MTH(T) (4.77a)
1 ~ A

I = ATII4+TIA + 5HMMTH - Q, Mw)=2I (4.77b)

v = (A= MEK) u—Qr, uw)=0 (4.77¢)

w = —Kz-— %MTU. (4.77d)

Here we take the normal Ricatti equation and integrate it forward in time from ¢ = 0
without the minus sign on the left-hand side, then reverse the resulting solution to
shift it to t = w. Further details about using this setup can be found on pages 174-175
of [26]. This is equivalent to keeping the Ricatti equation as —IT" and then taking the

integral from w to 0, where now 0 is our upper bound.
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The closed loop plant becomes:
7 = (A-=MK)z+ MM"u.

The optimal cost on |7, w| for any 7 using this control is

where the new auxiliary function f(7) satisfies

1 . . 1
= ZUMMTU—ETTQT, T <w

with

(4.78)

(4.79)

(4.80)

since our reference track at the final time is r(w) = 0. The optimal control w is

determined by solving (4.77b) for II. Since Z is not required to find II, this calculation

can be done off-line. The Kalman gain matrix K can also be computed and stored.

Note that K(t) is completely specified once the system, cost function, and terminal

time are specified. During the control run the optimal control w* is found using

(4.77d) applied to the plant which gives (4.78). However, since our control is the

additive uncertainty or noise in our model we only need to minimize the cost function.

We just make sure that the noise is within the bounds set.

The optimal cost to go and the value of the inner min will be

Z(0)"T1(0)2(0) — 2(0)"u(0) + £(0).

(4.81)
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Now we minimize over z(0). Taking the derivative of J(0) with respect to Z(0) we get
T = T(0)(0) - u(0) (1582)
and setting Jz) = 0 gives

z(0) = T 1(0)u(0). (4.83)

We can simplify by substituting (4.83) into (4.81). The cost becomes

J(0) = —%u(O)TH(O)_lu(O) + £(0). (4.84)

It is important to note that all we need from this inner minimization is the inner
cost. As shown in this section that can be accomplished by a set of numerical inte-
grations. Depending on the length of the time interval and number of grid points we
have the option of either integrating a second time or saving the previous integration

if we need a function a second time.

Algorithm for the Inner Minimization Using Approach I

The previous formulations and calculations were done to determine a solution
for the optimal test signal v that works. To actually carry out the evaluation the

following must be done. Note that we start out knowing r(w), f(w), II(w), u(w).
1. Integrate (4.77b), (4.77¢c), (4.72) in backward time to get I1(0), u(0), r(0).
2. The feedback K (or II) is saved from this iteration.

3. Equation (4.83) now gives us z(0). In order to evaluate (4.84) we need f(0).
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4. Given z(0) and 7(0) we can integrate (4.69), (4.77b), and (4.77c) in forward
time to get zZ(w).

5. We can now integrate (4.80) in backward time to get f(0).

Note that since we are interested in the value of the minimum, the results from
the integrations do not need to be saved unless it is advantageous in some way. Also,
the length of the integration interval is the test period which usually will not be very
long. The accuracy required of the numerical integration is related to the size of the
incipient faults and the conditioning of the differential equations of the system tested.
Accordingly, we use a fourth order integrator to solve this problem numerically. If the
systems are not stiff, an explicit method will work faster. For integrations involving
v, we have that v is piecewise constant. To maintain accuracy our first choice is a
fourth order Runge-Kutta method, where the computational grid is chosen so that
the points ¢; where v changes are a part of the grid. Since the Runge-Kutta methods
are one step methods, they will not lose any accuracy due to the loss of smoothness
in v.

The integrations will be done many times since they are in the inner minimization.
For many problems they can be sped up by either using a fixed grid, or computing
the grid on the first integration, and then for subsequent iterations reusing the grid
found for the first 66 value.

The computational effort can also be sped up by using an educated guess for the
first value of v. For example, one could pick a value of @ in the interior of €2, use
the standard two model algorithm to find a good proper test signal, and then use
this signal to begin the optimization. When computing this initial guess it is helpful
to take ||06|| as small as possible since this will produce a larger and more realistic
initial guess for v.

Depending on the incipient faults of interest there may be additional ways to speed
up the algorithm. For example, sensor faults would often be modeled by matrix C

depending on 6.
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4.4.2 Approach II

Ricatti solutions are popular since they restrict the size of the problem that is
being dealt with at each time step and because they provide the optimal solution in
a feedback form. However, in our setting when conducting the inner min we are only
interested in the value of the optimal cost. In the inner min, the control is the worse
case noise and we do not need to compute it. Also, the testing period may be short.
Thus, in some cases it may be better to directly solve for the minimum value from

the necessary conditions.

1. Transformed Problem: The boundary value problem (bvp) and necessary con-
ditions follow. Based on the work done using Approach I for solving the inner

min, we have

7 = —Az— Muw (4.85a)
r" = —Ar—DBv, r(w)=0. (4.85Db)

We also have our Hamiltonian

1 .
]?z§@+TFQ@+T%HH@—AU—A?eMw) (4.86)
Thus,
N = ATA—Qz—Qr, (4.87a)
1.~
w o= M\ (4.87D)

So we can rewrite the state equation as

1.~ -
7 =-Az— §MMTA (4.88)



Chapter 4. Continuous Time Case 91

and the cost function can be written as

J=2w) " 2(w) + /Ow %(z +r)7Q(z+ 1)+ EMMT/\dr (4.89)

The following is the algorithm for the inner minimization using Approach II.

We solve the boundary value problem

7 = —Az-— %MMT/\, (4.90a)
N o= ATA—Qz-Qr, Mw)=2z(w) (4.90b)
" = —Ar—Bv, r(w)=0 (4.90c)
¢ = %(2 +)IQ(z+r) + EATMMTA, q(0)=0 (4.90d)

with a boundary value solver. Given the solution of (4.90), the value of the

inner minimum for fixed z(0) is
q(w) + Z(w) 2(w). (4.91)

Suppose that the dimension of z is n. Then, just one integration of (4.77b)
requires integrating a system with 1(n? + n) unknowns. On the other hand,
(4.90) involves 3n + 1 dimensional differential equation. Thus, using (4.90)

could be competitive under some conditions.

2. Untransformed Problem: If it is decided to use a boundary value problem solver
then we do not need several of the earlier transformations used to get a tracking
problem in standard form. Instead we can start with the optimal control prob-
lem (4.35) subject to (4.66). Since v appears in the cost function, but not in

the constraint we can first minimize over v and get again that v = %C’z. Thus
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we have to minimize

w 1 o
J = 2(0)72(0) + / whw + §zTC’TC’sz (4.92)
0
subject to

2 = Az + Bv+ Muw. (4.93)

The Hamiltonian is given by

1 pam .

H=w"w+ §ZTCTC + M(Az + Bv + Muw) (4.94)

so that the necessary conditions include

Y = —Az+ Bv+ Muw (4.95a)
N o= —ATN-CTC2 (4.95b)
0 = 2w+ M\ (4.95¢)

Using (4.95¢) to eliminate w we get that the boundary value solver call will

solve

1 ~ ~
7 = Az+Bv—§MMT>\ (4.96a)
N o= —ATN-CTC2 (4.96b)
1 e |
uo= Z—L)\TMMT/\—FEZTC’TC’Z (4.96¢)
1
A0) = —52(0) (4.96d)
AMw) = 0 (4.96¢)

u(0) = 0. (4.96f)
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The value of the inner minimum is then

u(w) + 2(0)72(0). (4.97)

4.5 Outer Optimization

The outer optimization is done over the test signal. We begin with a test signal v
that is infinite dimensional so we need to reduce the problem to a finite dimensional
problem. Here we discuss how to compute v and a method used to develop a finite

problem.

4.5.1 Computation of the Test Signal

We now carefully examine how to evaluate the smallest noise S(v, 66). The outline

of our general algorithm follows:

e For fixed 60, v with ||v|| = 1 we compute the minimum of S where S is given
by (4.11). That is, we compute the smallest amount of noise consistent with
getting the same output from both models for a given value of 6. This is the
first min. Note that we only need the value and not the noise that produces

that value. We call this minimal value S(v, 06).

e Then, we minimize S(v,d60) over 06 € Q. For a given v we derive the smallest
noise S that results in equal outputs for all 6. The value that results from this

calculation is called S(v) or the second minimum.

e The larger the value for S(v), the better the resulting test signal. Accordingly,
we perform the outer maximum over |[v|| = 1 of S(06) to get a value S, and a

test signal v satisfying the condition ||7|| = 1.
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o If S, > 1, then v is proper but can be taken smaller. If S, < 1, then v is

not proper and must be increased. Finally, we determine an optimal proper

incipient test signal v* = \/%

Q) is parameterized by a finite dimensional vector 66. Thus, in principle this minimum
can be carried out by standard routines in Matlab such as fmincon as long as there
is a subroutine to evaluate the smallest noise S(v, 66).

The outer optimization is done over v. In general, v is infinite dimensional. How-
ever, the problem can be reduced to a finite dimensional problem using finite di-
mensional approximations, which often produce test signals that are both easier to
implement [12] and sufficiently optimal. Two of the more popular finite dimensional
approximations are piecewise constant (or piecewise spline) test signals or truncated
Fourier series. However, piecewise constant (or piecewise linear) signals are often
used in practice since they are easier to implement. If we take v to be from a finite
dimensional signal space, then this outer maximum is also over a finite dimensional
compact set. There are a many ways to get a finite dimensional family of v, which is

best depends on the problem. This idea is discussed further in Section 4.5.2.

4.5.2 Piecewise Constant Controls

Often it is most practical to apply piecewise constant or piecewise linear inputs.
We consider piecewise constant test signals. Assume v is piecewise constant, then

there are

e A finite number of times 0 =ty <t; < ... <t = w,

e A finite number of values v; such that v(t) = v; for t € [t;,t;11).

In the first variation, the times tq, ..., t; are fixed and the values vy, ..., v,_1 are
the parameterization of the test signal we optimize over. If the v; are m-dimensional,
then there are mk parameters. Often we can take k small, like K = 3 or k = 4. In

the second variation k is fixed, but the times tq,...,%,_; are not fixed. The values
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Vg, ...,Ur_1 and the ty, ..., t,_1 are the parameterization of the test signal we optimize
over. If the v; are m-dimensional then there are mk + k — 1 parameters. Here we
expect to be able to take k a little smaller than in variation one.

In [12] an algorithm is presented to compute optimal piecewise constant test sig-
nals. This paper focused on the case where the test signal changes a small number of
times. Examples were shown to illustrate computational differences between different
types of piecewise constant signals.

In [12] Choe et. al. develop a minimal piecewise constant test signal of the
original continuous time fault detection problem. With continual monitoring using
a test signal v, a fault that causes an abrupt change in the system is detected. The
times where the v changes value is called the v-grid. There are two steps in this

process:

e Develop an algorithm for computing minimal piecewise constant detection sig-

nals for a fixed v-grid;
e Optimize over the v-grid of the signal.

Note that the v-grid optimization is a nonlinear inequality constrained optimization
problem.

[12] highlights the case where the detection signal has a small number of constant
pieces, like one or two. As long as the uncertainty bounds and model assumptions
hold, the computed test signal is designed to guarantee the correct decision. There is

no particular form to the uncertainty.

4.5.3 Optimizing Over the Parameters

Provided the set €2 has a reasonable form, the next level of minimization is straight-
forward. However, we must be careful when we do the outer optimization since it is
over ||v]| = 1. The approach taken depends on what optimizers we have available.
We show the case where ¢;,1 —¢; = 7 a constant and we have times tg,...,tx. We

-1
assume v = /7 .
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One parameterization is

ool < (4.98a)
i < /1= lwol? (4.98b)
o2l < V1= llwoll? = [lo 12 (4.98c)

(4.984)

Now for each individual v; we can use n-dimensional spherical coordinates. This

results in K identical sets of box constraints and the radial coordinate bounds:

po < (4.99)
p < 1= (4.99b)
p2 < v\J1—p5—pi (4.99¢)

(4.99d)

v

It is important to note that for a given v that 750 is a proper test signal. Thus
during the optimization over d we can stop at any time and have a test signal that is
proper for all incipient faults with 06 € ). Attaining a minimum proper test signal
will usually not be necessary. A sufficiently small detection signal will work.

If S(v) > 0, then some multiple of v will be proper. This means that during the
outer optimization at each iteration we can easily get a proper test signal which is
not optimal. Accordingly, early termination of the algorithm results in a test signal
that is suboptimal, but could still be quite good. In practice this feature should be

utilized in the code to compute the test signal.



Chapter 4. Continuous Time Case 97

4.6 Examples

Example 7. To illustrate how we can implement the procedure outlined in Section
4.5.1 we consider the following academic example on the interval [0, L]. We suppose

L =4 for the following system

—0, 0, 0 M1

¥ = T+ v+ (4.100a)
1 —91 1 125]

y = <1 ()) T+ (4.100Db)

A change in 01 may be thought of as a change in the internal damping of friction of
the system while a change in 6 alters a frequency of the damped free response. We
suppose that our test signal generator produces sinusoids of predetermined frequency

and we seek a test signal of the following form

nnt

—); (4.101)

.7t .2t .
v =c1g sm(f) + cag sm(T) + ...+ cygsin(

% and n is any positive integer. The v are thus chosen in a finite

where g =
dimensional subspace.
We compute optimal test signals for n = 1,2,3,5. We can think of v as using

the first n terms of a Fourier sine series to generate a finite dimensional space of

test signals. Then v(t) has L* norm of one precisely when ¢ + ¢ + ...+ 2 = 1.
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We parameterize ¢ using the same box constraints we had over w in the discrete time

case. ||c|| =1 and the parameterization is
c; = cos(dy) (4.102)
co = sin(dy) cos(dy) (4.103)
c3 = sin(dy)sin(dz) cos(ds) (4.104)
(4.105)
Cn1 = sin(dy)...sin(d,—2) cos(d,—1) (4.106)
¢, = sin(dy)...sin(d, 1) (4.107)

where 0 < dy < m and 0 < d; < 27 fori € [2,n — 1]. We refer to the c.s as the
coefficients of v. Note that the test signal is a function of ¢ and t, i.e., v(c,t). The
n = 1 case of Equation (4.101) is also of interest. In that case there is no optimization
over d, just a rescaling is needed to make v proper.

The normal parameter values are 8 = 0.1,605 = 1.0, which gives eigenvalues of
—0, &+ \/0,. The fault condition is given by 66, € [1,2] and 60, € [2,4].

To solve this problem we use the second algorithm outlined in Section 4.4.2. The
boundary value problem (4.96) is solved using the Matlab function called bup4c and it
gives a solution to the innermost minimum. Then we optimize over the perturbations

and over the test signals using a Matlab command called fmincon. This gives the
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optimal test signal v*. This problem is well behaved, but if the dynamics are stiff then
extra care is needed when integrating the boundary value problem.

In fact, initially we started with a different matrixz A, but a problem occurred when
the optimizer was applied to the system because the solution was getting too large too
fast.  This error was due to the eigenvalues of matriz A, which resulted in an ill-
conditioned boundary value problem and the solver would not produce any solutions.
In order to resolve this problem we changed A so that it would have smaller eigenvalues
and this resulted in a better condition number. The system we use is well-conditioned
so it is less sensitive to perturbations of A or b. The growth of the solution was
reduced as well.

The function that gives the value of the inner min for a given d was called in-
nermin2. The optimal value of d is found by a maximization. This was done by
minimizing -innermin2. To get an idea of the optimization landscape for this exam-

ple, we plot z=-innermin2(d) for two dimensional d (or n = 3) in Figure 4.1.
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Figure 4.1: Plot of z=innermin2(d) for n = 3

We also plot v* forn =1,2,3,5. Recall that —v* is proper if v* is proper so for
comparison purposes we actually plot the —v* for n = 3,5 separately and then graph
all of the test signals together. Table 4.1 gives the norm and coefficients of the optimal

test signal found for each n.

Table 4.1: Example 7 Optimal Test Signal v Norm and Coefficients

n| norm Coefficients

1] 5.4365 1 0 0 0 0
2 | 3.7456 | 0.6091 | 0.7931 0 0 0
31 3.6858 | -0.5419 | -0.8024 | -0.2499 0 0
51 3.6247 | -0.5172 | -0.7795 | -0.2795 | -0.1631 | -0.1418

Each n produces a suboptimal incipient test signal v*. As we increase the number
of parameters in v (the test signal form), the size of the test signal decreases. In this

example, most of the improvement is present already by n = 2. This is consistent with

some of the previous work on different problems where it was seen that on long time
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intervals some type of sinusoid approaches optimal. Figure 4.6 is the result when all

the test signals are plotted on the same graph.

Plot of the optimal proper incipient test signal v*

Test Signal, v
= I w
()] N (4] w L]

-

o
&)

0 L I 1 L L L 1

Time

Figure 4.2: Optimal test signal for n = 1 for Example 7
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Plot of the optimal proper incipient test signal v*
35

2.5+

Test Signal, v

-1 L L L L L L L

0 0.5 1 1.5 2 2.5 3 35 4
Time

Figure 4.3: Optimal test signal for n = 2 for Example 7

Plot of the optimal proper incipient test signal v*

Test Signal, v

0 0.5 1 1.5 2 25 3 3.5 4
Time

Figure 4.4: Optimal test signal for n = 3 for Example 7
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Test Signal, v

Plot of the optimal proper incipient test signal v*

0 0.5 1 15 2 25 3 3.5 4
Time

Figure 4.5: Optimal test signal for n = 5 for Example 7

Test Signal, v

Figure 4.6: Optimal test signal for n = 1,2, 3,5 for Example 7

Plot of the optimal proper incipient test signal v*

0 0.5 1 1.5 2 25 3 35 4
Time
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Example 8. In the previous example both eigenvalues were real. Now we illustrate
how different the problems can be when we consider a slightly different system matrix.
Again using the procedure outlined in Section 4.5.1 (the same method implemented in

Ezample 7), we examine the following system on the interval [0, 4]

—Ql —92 O /1,1

¥ = x+ v+ (4.108a)
1 —91 1 ﬂ2

y = <1 ()> T+ v (4.108b)

A change in 01 may be thought of as a change in the internal damping of friction of
the system while a change in 0y alters a frequency of the damped free response. We
use the same finite dimensional family of test signals as in Example 7. The n = 1
case of equation (4.101) is also examined.

The normal parameter values are 61 = 0.3 and 0y = 4.0 so that the free response
of the system is a lightly damped oscillation. The fault condition is given by 00, €
[—0.1,0.1] and 60y € [1,2]. Since the eigenvalues of this system are —0; 4 /0y we
have that the problem s a lightly damped oscillation. We consider the perturbations
as an uncertainty in the damping and an incipient fault in frequency.

Table 4.2 gives the norm and coefficients of the optimal test signals found for each
n. Recall that —v* is proper if v* is proper so for comparison purposes we actually

plot the —v* for n = 3,5. We plot v* forn = 1,2,3,5. Figure 4.11 gives the graph
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Table 4.2: Example 8 Optimal Test Signal v Norm and Coefficients

n norm Coefficients

1| 24.4291 1 0 0 0 0
2 | 8.5087 | 0.2061 | 0.9785 0 0 0
31 6.2633 | 0.5403 | -0.3632 | -0.7591 0 0
51 5.1781 | 0.0316 | -0.3494 | -0.8690 | -0.3378 | 0.0881

of all of the test signals plotted together. It can be seen that the test signal for n =1

is larger than that for any n > 1. In fact just like in Example 7 as n increases the

norm of v decreases and the inner minimum increases.

This problem’s solution is different from the solution of Example 7 in several ways.

Here the extra terms in the approzimation beyond n = 2 continued to be useful. It is

interesting to look at the optimal test signal. In this problem, the imaginary part of

the eigenvalues for the nonfaulty system were +2i and for the faulty system were +yi

with /2 < v < /3. Looking at the n = 5 case the dominant term in v of the form

sin(yt) has 1p = 2.3562. Thus the optimizer chose a signal whose dominant frequency

was both close to the frequency of the nonfaulty system yet some distance from the

faulty frequencies.
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Plot of the optimal proper incipient test signal v*

161
14+
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Figure 4.7: Optimal test signal for n = 1 for Example 8

Plot of the optimal proper incipient test signal v*

Test Signal, v

1 1 1 1 Il 1 Il J

Time

Figure 4.8: Optimal test signal for n = 2 for Example 8
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Plot of the optimal proper incipient test signal v*

Test Signal, v

Time

Figure 4.9: Optimal test signal for n = 3 for Example 8

Plot of the optimal proper incipient test signal v*

Test Signal, v

Time

Figure 4.10: Optimal test signal for n = 5 for Example 8
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Plot of the optimal proper incipient test signal v*

201

Test Signal, v

Time

Figure 4.11: Optimal test signal for n = 1,2, 3,5 for Example 8
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4.7 Using the Test Signal

In the standard two model test using an active test signal there is a direct pro-
cedure for using the test signal. Each model has a noise bound and as the output y
is received, a filter is run which is computing the minimal noise needed to have y as
an output of that particular model. Once one of the filters exceeds the bound, it is
possible to decide if a fault is present or not. A similar idea can be used for this case,
but we need to modify the method slightly because of the § parameter. Running
a 00 optimization would be computationally expensive to have in the filter. Also,
we use the two-norm on the total noise in the two models instead of the max norm
as in [10]. These differences can be handled by noting that for linear problems with
additive uncertainty that the test signals and noise bounds scale together. Note that

for any pair of real numbers a,b we have

max([lal, [Bl]) < v/(a? + %) < vV2max(|la], [[o]).

The actual application of the test signals would proceed as follows. Suppose that
we have a set of incipient faults parameterized by € and given by (4.12). Assume

that the noise bound for each model separately is
S; = 2;(0)T2;(0) + / vl v+ pl i dt < 6% (4.109)
0

We compute the test signal v* for a bound of 1. Let © = §v/2v*. Using this test signal
we have that if we get the same output from both the normal and any of the faulty
models, then one of the models must have noise S; larger than 62. We then run the
standard filter on just the normal model. From Theorem 3.3.4 of [10] we have the
following proposition.

Proposition 1: Given the systems (4.8), (4.9), and the noise bound (4.109). Let
v* be the test signal for the multi-model incipient problem found by the algorithm of
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this thesis with the bound S < 1. Let
0 =0v2v*,Q = MMT, and R= NNT.
Let
v(s) = Jy (TRt

where

P = AP+ PAT - PCTR'CP+Q, P(0)=1 (4.110a)
Y = Az—PCTR'( - Bi (4.110b)
¢ = Cz—uy. (4.110c)

If at any time 7 during the test period we have v(7) > 6%, then a fault has occurred.
If v(w) < 62, then no fault has occurred.
P can be found either online or offline depending on the problem. If P is to be

found online, then let
G, =CTR'C,Gy=R ', Gy3=CTR™!

and integrate the system

P = AP+ PA" - PG,P+Q, P00)=1I (4.111a)
7 = (A—PGy)z — PGsy — B (4.111Db)
v = (Cz—y)'RYCz —y),v(0) = 0. (4.111c)

Note that (4.111) can be integrated as y arrives from the sensors so that ((t) is

available in close to real time and the test can be stopped when the fault is detected.
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4.8 Conclusions for the Continuous Time Case

The previous work on active failure detection has considered both additive and
model uncertainty. While we have focused on additive uncertainty, we in fact are
also including a type of model uncertainty. The model uncertainty considered here is
quite different than that considered in [10] and the related papers. In [10] the model
uncertainty is handled by writing a larger system using a formulation similar to that
of [37]. While proven useful that type of model uncertainty has the effect in our
setting of increasing the amount of uncertainty with increasing size of the test signal.
In fact, very large test signals may not even be proper.

In this setting, we can think of part of {2 as the range of the incipient fault and
part of it as a type of model uncertainty. Note that we only require that 0 ¢ €2, but
for any particular variable #; we can allow d6; to vary over a set including 0. Thus
we can use some of the 06; to express the incipient fault and the other 66; to express
model uncertainty in either the faulty or nonfaulty model. Depending on how v and
0 enter the equations it is no longer the case that there have to be limits on the size
of the proper test signal. This can greatly increase the robustness of the numerical
approaches used. Note that on Example 8 we allowed 06, to take on the value of zero.

While we do not discuss this in depth here, our results can also be useful in
parameter identification. A test signal which is useful for testing an incipient fault
in variable 0, is also one for which the value of 8 is sensitive to. This idea will be
examined more carefully in chapter five.

This chapter presents the first algorithm for the computation of minimal proper
test signals to detect multiple simultaneous incipient faults in continuous time linear
systems. We have addressed the 06; as being parameter variations which are the
incipient fault, but in fact part of them could be model uncertainty and a particular
value of some of the drift parameters d6; could be zero. The only assumption that is
required is that the vector perturbation 66 is bounded away from the origin. However,
the computational algorithms and software may also need that {2 is convex in order

to perform efficiently.
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This work differs from the previous incipient work in several key ways. We allow
for multiple faults to occur concurrently and we do not use linearizations, so there
is not an assumption of small test signals. In addition, the model uncertainty is
formulated in a very different way. For larger fault sets (2, our signal is still guaranteed
to be proper. In the previous work, the uncertainty appeared in the form of another
type of noise and placed stronger restrictions on the test signal than we have with
our approach here. Also, in previous studies larger test signals always expanded
the amount of noise until at some point detection might be impossible. Finally, our
approach to uncertainty is somewhat less conservative than the usual approximations

which increase the allowed level of noise in order to incorporate the uncertainty.
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Chapter 5

Future Work

We discuss some of the remaining open problems and highlight some practical

applications related to the fault detection approach considered in this dissertation.

5.1 Examination of Model Uncertainty

A perfectly accurate mathematical model of a physical system can not be con-
structed. Usually, the parameters of the system vary with time and the characteristics
of the noises are unknown so they cannot be modeled accurately. Therefore, there is
always at least a slight difference between the actual process and its mathematical
model even when there are no faults present. A good model should be simple enough
to design, yet complex enough to give the engineer confidence that designs based on
the model will work on the true plant [46].

The discrepancies that arise in design may cause difficulties in fault detection and
isolation (FDI) applications. In particular, they may act as sources of false alarms
or missed alarms. The modeling of uncertainties and noise is thus the most critical
part in model-based FDI concepts and the solution to this problem is the key for its
practical use. One way to address the problem of model uncertainty in a system is
to create an FDI scheme that increases insensitivity to modeling uncertainty in order

to provide increased fault sensitivity [43].
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An important task of the model-based FDI scheme is to be able to identify in-
cipient faults in a system. Unlike abrupt faults, incipient faults may have a small
effect on residuals and they can be hidden by disturbances. The presence of incipient
faults may not necessarily degrade the performance of the system, however, they may
indicate that the component should be replaced before there is a chance of a more
serious malfunction in the plant. As a result, the successful detection and diagnosis
of incipient faults can be challenging in the design and evaluation of FDI algorithms
[43].

Error and uncertainty are often used interchangeably to describe what we some-
times refer to as noise in an observed system. However, they are defined slightly
differently. Error is defined as a recognizable deficiency in any phase or activity of
modeling and simulation that is not due to lack of knowledge [1]. Uncertainty is
defined as a potential deficiency in any phase or activity of the modeling process that
is due to a lack of knowledge [1].

The definition for error implies that the deficiency is identifiable upon examina-
tion. Errors can also be classified as acknowledged or unacknowledged. Acknowledged
errors (like round-off error and discretization error) have methods for identifying them
and possibly removing them. Otherwise, they can remain in the code with their error
estimated and listed. Unacknowledged errors (examples include computer program-
ming errors or usage errors) have no set procedure for finding them and may continue
within the code or simulation.

The key word in the definition of uncertainty is potential, which indicates that
deficiencies may or may not exist. Lack of knowledge referenced in the definition
has primarily to do with lack of knowledge about the physical processes that go
into building the model. Sensitivity and uncertainty analyses can be used to better
determine uncertainty.

There are two main types of uncertainty. This thesis deals with additive uncer-
tainty and some types of model uncertainty. There is also the possibility of exploring
model uncertainty further with this same type of problem.

Examining model uncertainty allows for the estimation of variability of the model
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parameters that result from random disturbances in the output. Understanding model
variability helps with understanding how different the model parameters would be if
the estimation was repeated using a different data set (with the same input sequence
as the original data set) and the same model structure. Some references include
43, 46].

The parameter 6 could be taken as model uncertainty. Based on [43], we consider
the situation where the system matrices are functions of the parameter vector 6 €
Jrrxt:

Tpy1 = A@)zg + B(O)vpy + Mpy,, k=0,...,K—1 (5.1)

If the parameter vector varies around the nominal condition 6 = 6, then (5.1) can

be rewritten as:

g
0A 0B
Tt = A(@)l’k + B(G)vk + My + E (%(5911‘ + %5910), k=0,..., K -1 (52)
i=1 ! ¢

In this case, the distribution matrix and unknown input vector can be represented

by:

T
Ez(é’—é %’Z . % g%),d(t)Z(éGlxﬂ S0 L] 80,27 56’gvT> :

5.2 Fault Identification

A fault is defined as an unacceptable deviation of the system behavior. It is a
malfunction that can disturb the normal operation of a system, causing an unaccept-
able deterioration of the performance of the system. Therefore, it is important to
diagnose faults as early as possible [45].

Fault diagnosis consists of determining the fault type with as many details as

possible such as the fault size, location, and time of detection. Fault diagnosis usually
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includes the following tasks:

e Fault detection - the existence of a fault, which leads to undesirable behavior

in a system, determined;

e Fault isolation - the location of the fault (which component has become faulty)

is determined;

e Fault identification - the magnitude, type, and cause of the fault are estimated.

In this thesis we focus on detecting faults only, but there is also the problem of fault
identification which is considered the most important of all of the fault diagnosis
tasks [43]. The detection and isolation of a fault are more easily achieved during the
diagnosis process so there have been many studies on these topics. However, the fault

identification problem itself has not gained as much research attention [43].

5.3 Parameter Identification

There is another problem called parameter identification. Parameter identification
is an important part of any successful design for controlling systems with unknown
parameters [35]. For continuous linear time invariant systems, the Kalman filter-
based identifier is a popular design method for online parameter identification. The
Kalman filter-based identification scheme can be applied directly to the system when
the state variable and its derivative are both available for identification purposes.
However, if the only information we have available to us is noise corrupted output
measurements, the identification scheme must utilize the Kreisselmeier observer in the
single-input-single-output (SISO) case or a general prefiltering-based design for the
multi-input-multi-output (MIMO) case. After this process, the problem is converted
to one that can be solved using the Kalman filter-based method [35].

One can think of our design as determining a test signal v for which the output
is more sensitive to parameter change. This suggests our results might be useful also

for designing test signals for parameter identification.
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5.4 More Efficient Algorithm

When writing code to solve a problem it is important to consider the efficiency of
the algorithm used. One major factor to consider when analyzing the efficiency of an
algorithm is the time it takes to get a solution. It takes about half an hour to run the
code to solve a two parameter problem for n > 2 for Examples 7 and 8 in Chapter
4. Accordingly, developing code that solves the continuous time case faster is a topic

for future study.

5.5 Applications

Incipient fault detection consists of early detection of small variations in system
behavior. Therefore this technique can be very useful in maintaining the integrity and
efficiency of practical systems. In addition, there is usually a cost savings when poten-
tial machine failures are detected before they occur. For example, in manufacturing,
machine tools are used extensively to create objects to fit specific needs. Recent
studies indicate that as many as ninety percent of the failures of machine tools occur
because of the malfunction of internal components such as the main motor. There-
fore, it is important that these motor malfunctions are detected and corrected before
the quality of the system is degraded and the overall system is jeopardized [13]. Some
of the applications include detecting incipient faults in small DC motors found in
personal computers, big motors used in power plants, and valve actuators found in
HVAC systems.

Future research would include the investigation of specific applications and effi-

cient algorithms tailored to these applications.
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Chapter 6

Concluding Remarks and

Contributions

6.1 Concluding Remarks

We assume that the detection signal v is available to us over a given time interval
and we use it to reveal the presence of incipient faults. There are multiple questions
that must be addressed in finding solutions to this optimal control problem: under
what conditions does an input v exist such that small parameter variations (incipient
faults) of a given size can be detected, what is the smallest energy v resulting in
detection, and how can the detection procedure be implemented on-line. It should
be noted that detection is considered possible if the set of outputs y corresponding
to the nominal system and the set of outputs corresponding to the faulty system do
not intersect.

We use an active approach to detect incipient faults in linear systems where there
is more than one drifting parameter. A threshold is specified and we seek detection
if some combination of uncertainties is exceeded. The shape of a good test signal
independent of 6 is determined. Then, we scale the detection signal depending on
the specified threshold. The incipient test signal solution can be compared to the

solutions found using the two model approach.
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In the two model approach, we find a test signal for two fixed models that guaran-
tees detection for a special case. The incipient test signal is found using two models
that are the result of problem reformulation and a limiting process. Therefore, incip-
ient test signals can be very different from the two model test signals. With scaling,
the incipient detection signal is designed to work for a parameterized family of models.

If there is only one 06, then we get two models just like the model problem.
However, the value for 6 may vary and we consider a few different values. As a
result, we do not want to compute a separate v for every value of §6. Therefore, we
construct a model where @ is the parameter and another model where 6 + 66 is the
parameter (00 # 0). We compute a signal that can work for a range of values of §6.

In the process, we do some approximations and a change of variables. This gives
equations that look like two models with no 06 in the expression. There is a new
* 11

ine = W’ where we take w* = %fy for the discrete time

case. We solve for ¥ given 0k using %. v is actually a suboptimal test signal due

optimal test signal, v

to approximation. In certain places, we drop higher order terms. Since this is an
approximation, this works if 66 is small enough. If the model is linear, then we
will not get the higher order terms so the approximation will be the actual result.
However, with the nonlinear case, we must be more careful because we will lose some
higher order terms when calculating the approximation. As a result, for the linear
case, we can use a larger interval for 66 values, but in the nonlinear case the model
works for smaller intervals of 6. The continuous case works in a similar manner.
We found that for the discrete time case

inc
signal for a special case

e v’ covers a range of problems, so we expect it to be larger than just one test

e For smaller Jk, vi*nc is closer to the solution of the two model test signals
e The problem solved is a min-max problem

Discrete systems can arise in different ways. They can be discrete or they can be

approximations of continuous time systems. Example 6, which is set up as a discrete
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problem, is an approximation of a continuous time system. In fact, it is what happens
when you apply Euler’s numerical method to the equation z” + dx’ + sz = v.

In general, we sometimes approximate a continuous time system by a discrete
system. However, if there are lots of time steps it is sometimes better to look at
a discrete time system as continuous. However, this is only possible sometimes. In
addition, depending on the algorithm implemented to solve for the incipient test signal

it may be better to choose either a discrete time or continuous time model.

6.2 Contributions

6.2.1 Papers

e Active Incipient Fault Detection With Two Simultaneous Faults

— Safe Process 2009 7th IFAC Symposium on Fault Detection, Supervision
and Safety of Technical Processes, Barcelona, Spain, presenter Alireza Esna
Ashari

This paper addresses the problem of detecting small parameter variations in
linear uncertain systems due to incipient faults by injecting an input signal to
enhance detection of the faults. Previous work assumed that there was only one
fault occurring at a time. We allow for two concurrent faults, which is a natural
assumption in the incipient case. A useful method for the construction of an
optimal input signal for achieving guaranteed detection with specified precision
is presented in the discrete model case. This method is an extension of the
multi-model approach used for the construction of auxiliary signals for failure

detection, however, new technical issues included. The paper was presented.

o Active Incipient Fault Detection With More Than Two Simultaneous Faults
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— 2009 IEEE International Conference on Systems, Man, and Cybernetics,

San Antonio, Texas

This paper extends the idea highlighted in Active Incipient Fault Detection With
Two Simultaneous Faults by focusing on the case where we look at linear uncer-
tain systems with three incipient faults occurring simultaneously. A computa-
tional method for the construction of an input signal for achieving guaranteed
detection with specified precision is presented for discrete time systems. This
method is an extension of the multi-model approach used for the construction
of auxiliary signals for failure detection, however, new technical issues included.

A case study is examined.

e Active Incipient Fault Detection In Continuous Time Systems With Multiple

Simultaneous Faults

— Provisionally Accepted to Numerical Algebra, Control, and Optimization

Journal in 2010

The problem of detecting small parameter variations in linear uncertain systems
due to incipient faults, with the possibility of injecting an input signal to en-
hance detection is considered. This paper extends the work of Active Incipient
Fault Detection With More Than Two Simultaneous Faults to continuous time
systems. For the continuous time incipient fault problem the information from
the discrete time case that is relevant is utilized. However, a different method
is implemented to calculate the optimal incipient test signal for the continuous
time case. An LQR problem is solved in order to find a solution for the test

signal. A case study is examined.

6.2.2 Presentations

e Active Incipient Fault Detection With More Than Two Simultaneous Faults,

IEEE International Conference on Systems, Man, and Cybernetics, San Anto-
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nio, TX, October 20009.

e Active Incipient Fault Detection With Multiple Concurrent Faults, SIAM-SEAS
Conference, Raleigh, NC, March 2010.

e Active Incipient Fault Detection With Multiple Simultaneous Faults (Continu-
ous Time Case), STAM National Meeting, Pittsburgh, PA, July 2010.
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Definitions

Actuator is a mechanical device for moving or controlling a mechanism or system;
a mechanical device that puts something into automatic action. It takes energy,
usually transported by air, electric current, or liquid and converts that into some
kind of motion.

Condition number The condition number of a matrix A is the quantity || A|||| A7
It is the measure of sensitivity of the solution Az = b to the perturbations of A or
b. If the condition number is one, A is said to be perfectly conditioned. A problem
with a low condition number (relative to one) is said to be well-conditioned. If the
condition number of A is large, A is said to be ill-conditioned.

Degenerate is a limiting case of some type of entity that is equivalent to some
simpler type, often obtained by setting some coefficient or parameter to zero. For
instance, when using an optimizer if the bounds have been set such that the optimal
point is outside of the boundary and the initial guess is close to a certain value, then
we may get a degenerate point.

Deterministic system is a system in which the output can be predicted with
100 percent certainty.

Disturbance is an unknown and uncontrolled input acting on a system.

Fault is an unpermitted deviation of at least one characteristic property or pa-
rameter of the system from the acceptable, usual, or standard condition.

Failure is a permanent interruption of a system’s ability to perform a required
function under specified operating conditions.

Failure detection is the early recognition of problem-prone behavior in an ob-
served system in order to prevent the system from shutting down or causing a prob-
lematic incident. Failure detection increases system safety, reliability, and availability.

Fault diagnosis consists of determining the type, size, and location of the most
possible fault, as well as the time of detection. Fault diagnosis procedures use the
analytic and heuristics/human knowledge (that is, a set of rules intended to increase

the probability of solving some problem) symptoms.
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Fault identification is the determination of the size and time-invariant behavior
of a fault.

Fault tolerance means faults are compensated in such a way that they do not
lead to system failures. Unavoidable faults should be tolerated by additional design
efforts, like additive uncertainty in our models.

Feedback control is a type of system control we get when a part of the output
signal is operated upon and fed back to the input in order to obtain a desired effect.
It is the measurement of differences between planned outputs and actual outputs
achieved, and the modification of subsequent action and/or plans to achieve future
required results.

Fourier Series decomposes any periodic function or periodic signal into the sum
of a (possibly infinite) set of simple oscillating functions, namely sines and cosines
(or complex exponentials). The Fourier series has many applications in electrical
engineering, optics, signal processing, etc.

Hybrid systems are systems modeled by discrete dynamics combined with con-
tinuous dynamics. Also, although most systems are usually described by either a
continuous-time model or a discrete-time model, when designing a stabilizing feed-
back, it may be necessary (or more efficient) to consider a hybrid feedback law. In
this context, the system in closed loop becomes hybrid.

Ill-conditioned An ill-conditioned matrix is one where the solution to Az = b is
overly sensitive to perturbations in A or b.

Least Squares Solution According to Wolfram Online, if we want to find so-
lutions to the matrix equation Arxz = B, where A is an mxn matrix and m > n,
there may be no solution. In these cases, it is possible to find a best fit solution that
minimizes ||Ax — Bl|s (two-norm). This generates a least squares solution. This is
often used because the function 1||Az — B||3 is differentiable in z and the two-norm
is preserved under orthogonal transformations.

If the rank of A is n (full column rank),it can be shown that there is a unique
solution to the least squares problem and it solves the linear system. If A isanm xn

matrix with m > n (i.e., there are more equations than unknowns), then the general
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way to find a least squares solution to this overdetermined system is to use SVD
to form a matrix known as the pseudo-inverse of the matrix A. We want to solve
Az = B, so we find p = A" (pseudo-inverse). Then, x = pB. This technique works
even if the input matrix A is rank deficient.

Max norm also called the infinity norm is defined by |||/ = max; |x;].

Nondeterministic system is a system in which the output cannot be predicted
because there are multiple possible outcomes for each input.

Optimization In mathematics, optimization or mathematical programming, refers
to choosing the best element from some set of available options. In the simplest case,
this means solving problems in which one seeks to minimize or maximize a real func-
tion by systematically choosing the values of real or integer variables from within an
allowed set. This scalar real valued objective (cost) function is actually a small subset
of this field which consists of a large area of applied mathematics. In general, it means
finding ’the best values’ of some objective function given a defined domain, including
a variety of different types of objective functions and different types of domains.

Orthonormal set B = uy, us, ..., u, is called an orthonormal set whenever each
|lu;|| = 1 for each ¢, and u; Lu; for all i # j. In other words, the inner product of u;, u;
is equal to one when ¢ = j and zero when 7 # j. Every orthonormal set is linearly
independent. Every orthonormal set of n vectors from an n-dimensional space V' is
an orthonormal basis for V. See pages 298-300 of [27] for more about orthonormal
bases and Fourier Expansions.

Parameter is a factor that determines a range of variations; it creates a boundary
in a problem. It can also be defined as a constant or variable term in a function
that determines the specific form of the function, but not its general nature, as b in
f(z) = bx, where b determines only the slope of the line described by f(z).

Pseudo inverse is a matrix inverse that may be defined for a complex matrix,
even if it is not square. It is possible to construct many different pseudo inverses for
the same matrix; the pseudo inverse is not unique. The most commonly used pseudo
inverse, which will be used in this work, is the Moore-Penrose pseudo inverse.

Rank Let A,,x, be a matrix. Then, rank(A*)=rank(A). Also, rank(A) is the
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maximum number of linearly independent rows.

Sensor is a device that measures a physical quantity and converts it into a signal
which can be read by an observer or by an instrument. In other words, a sensor is a
device which receives and responds to a signal. A sensor’s sensitivity indicates how
much the sensor’s output changes when the measured quantity changes. Applications
include cars, machines, manufacturing, and robotics.

Singular Value Decomposition (SVD) For each A,,x, matrix of rank r, there
are orthogonal matrices U, xnm and Vy,x, (UTU = I,VTV = I) and a diagonal matrix

D,w, = Diag(0oy, 09, ...,0,) such that

with 01 > 09 > ... > 0, > 0. The o;’s are called the nonzero singular values of A.
When r < p, where p = min(m,n), A is said to have p — r additional zero singular
values. This factorization is called a SVD of A, the columns of U and V' are called left-
hand and right-hand singular vectors for A, respectively. The o;’s are the eigenvalues

of A*A and the singular vectors are specialized sets of eigenvectors for A*A.

SVD Example-Wikipedia

Let Hyys be a matrix such that there is a SVD H = UXVT, where Uyy4, Vsys are
both orthogonal matrices and ¥445 with D,.,., r=rank of H.

V' contains an orthonormal set of input basis vectors for H and U contains an
orthonormal set of output basis vectors for H. Also, ¥ contains the singular values
of H since 02’s are actually eigenvalues of HZ H. Suppose U = (U, Us), then U is
an orthonormal basis for R(H) (first r columns) and U, is an orthonormal basis for
N(HT) (last m — r columns). Let V = (V4,V5), where V} is an orthonormal basis
for R(HT) (first r columns) and V, is an orthonormal basis for N(H) (last n — r

columns).
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Y71 is the transpose of ¥ with every nonzero entry replaced by its reciprocal.

HT H is numerically unstable, especially for singular values close to zero.

o o o =
_~ O O O
o O w O
o O O O
S O O N

Then, an SVD of H represented by H = UXV7T is given by

0 100 0
001 0 40 0 00
010 0 03 0 00 o0 boo
Hyyxs = V2 000 V38
000 —1]1|0 o0 +v5 0 0
100 0 00 0 00 Coou o
V8 000 V2
Hence, we can determine Hf = VE~1UT
00 V20 =8 (i0 00
00 0 1
10 0 0 0 03 0 0
Hi,=[o1 0 0 o0 oo Lo
o V5 10 0 0
00 0 1 0 00000010
00 V80 V2 00 0 0

which is the pseudo inverse of H.

SVD Command in Matlab [U,S,V] = svd(X) produces a diagonal matrix
S, with the same dimension as X, containing nonnegative diagonal elements in de-
creasing order (these are the singular values of X), and unitary matrices U and V'

so that X = USV*. The columns of V' are the right-singular vectors of X for the
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corresponding singular values (found on the diagonal of S). Therefore, the rows of
V* are right-singular vectors that correspond to the singular values of X.

Static case is the case when the processes have no dynamics and are simply
functions between vector spaces.

Unitary and Orthogonal Matrices These types of matrices have some nice
features, one of which is the fact that they are easy to invert. The columns of
Unxm = (u1,us,...,uy) are an orthonormal set meaning [U * Ul;; = wju; (inner
product) and this equals 1 when ¢ = j and it equals 0 when i # j. Also, U*U =1
which implies that U~! = U*. Since U*U = I iff UU* = I, the columns of U are
orthonormal iff the rows of U are orthonormal. As a result, the definition of these
matrices can be stated either in terms of orthonormal columns or orthonormal rows.
Recall: Every orthonormal set is linearly independent. Further, multiplication by an
orthogonal matrix does not change the length of the vector. Say U is an orthogonal
matrix, then |[|[Uz||? = ||z||? for any vector x € R".

Well-conditioned means numerically stable; having a small condition number.
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Matlab Commands Used

Matlab Integrator

Ordinary differential equations (odes) arise in many mathematical models and
describe phenomena that continuously change. Therefore a system of odes has many
solutions, but often there is a particular solution of interest. This solution is deter-
mined by specifying the values of all of the system’s components at a single point,
x = a. This is called an initial value problem (IVP).

However, in many applications a solution is determined in a more complex way.
A boundary value problem (BVP), like the one solved in this thesis, specifies values
or equations for solution components at more than one z. Unlike IVPs, a BVP may
not have a solution, or it may have a finite number of solutions, or it may have
infinitely many solutions. As a result, programs written to solve BVPs require users
to provide an initial guess for the solution desired. Sometimes parameters also need

to be determined.

bvp4c

bvp4c solves boundary value problems for ordinary differential equations. The
general syntax for this particular function is as follows: sol=bvp4c(odef, bef, solinit),
solinit = bvpinit(x, yinit, params).

odef is a function handle that evaluates the ode f(z,y), which can have one of two
forms: dydx=odef(z,y), dydx=odef(x, y,params), where z is a scalar, y is a column
vector, and params represents a vector of unknowns. The output dydx is a column
vector.

bef is a function handle that computes the residual in the boundary conditions.
For two-point boundary value conditions of the form be(y(a), y(b)), bef can have the

form: res=bcf(z,y), res=bcf(x, y,params). x,y, and params are defined as above.
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y(a) corresponds to initial conditions, y(b) corresponds to final conditions and res is
a column vector. There is also the possibility of having a multi-point boundary value
problem.

solinit is a structure containing the initial guess for a solution. The user must cre-
ate the function bvpinit.solinit which includes the following fields: x,y, and params.
x represents the ordered nodes of the initial mesh. The boundary conditions are im-
posed at the initial and final times. This y is the initial guess for the solution such
that solinit.y(:,i) is a guess for the solution at the node solinit.x(i). params is optional
and it provides an initial guess for unknown parameters. The structure can have any
name, but the fields must be named z,y, and parameters.

sol=bvp4c(odef,bef,solinit) integrates a system of ordinary differential equations
of the form y' = f(z,y) on the interval [a,b] subject to two-point boundary value

conditions be(y(a), y(b)) = 0.

Matlab Optimizers

In general, these are the steps to take in order to use the optimizers in Matlab.
Create a separate M-file that only has the objective function in it. Use the handle
sign (@) in the optimization function call to let Matlab know this is the function to
optimize. Also, include the initial starting point and any other parameters for the
function. This is the method we implement using fmincon.

Generally, positive exitflag values are good. Usually the larger the exitflag value,

the more confident the optimizer is that it has found a good result.

fmincon

This optimizer tries to find the minimum of a constrained nonlinear multivariable
function starting at an initial estimate. This is usually referred to as constrained

nonlinear optimization or nonlinear programming.
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[z,fval exitflag] = fmincon(fun,z0, A, b, Aeq, beq,lb,ub nonlcon,options) minimizes
with the optimization options specified in the structure options. z minimizes the
objective function fun, fval returns the value of the objective function fun at the
solution x, and exitflag gives a numerical value that indicates the integrity of the
optimization. Optimset can be used to set the structure options. If there are no
nonlinear inequality or equality constraints, set nonlcon = [|. Here x0 is the initial
estimate, A, b, Aeq,beq are used for any linear constraints in the problem, where
Axr < b or Aeq x = beq if it exists. Also, 1b represents the lower bound of x and
ub stands for the upper bound of z if it exists. If any of these constraints are not
present in the optimization problem, then instead of a value or function, you put ||

to indicate it does not exist.

Optimization Options

Some options apply to all algorithms and others are relevant only to certain algo-
rithms. Optimset can be used to set or change the value of these fields in structure
options.

fmincon uses one of following three algorithms: active-set, interior-point, or trust-
region-reflective. You choose the algorithm at the command line with optimset. For
example: options=optimset(’Algorithm’ ’active-set’).

The default trust-region-reflective (formerly called large-scale) requires: a gradient
to be supplied in the objective function, ’GradObj’ to be set to ’on’, and either bound
constraints or linear equality constraints, but not both. If these conditions are not
all satisfied, the ’active-set’ algorithm (formerly called medium-scale) is the default.

The ’active-set’ algorithm is not a large-scale algorithm.

Exitflag

If the value of the exitflag is greater than 0 this means that fmincon converged to

a solution. If the exitflag equals 0, this means that the maximum number of function
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evaluations was reached. If the exitflag is less than 0, then fmincon did not converge
to a solution.

There are eight possible exitflag messages in fmincon. 1-first order optimality
measure was less than options.TolFun and maximum constraint violation was less
than options.TolCon, 2- the change in x was less than options.TolX, 3-the change
in the objective function value was less than options.TolFun, 4-the magnitude of
the search direction was less than 2*options.TolX and constraint violation was less
than options.TolCon, 5-the magnitude of directional derivative in search direction
was less than 2*options.TolFun and maximum constraint violation was less than
options.TolCon, 0-the number of iterations exceeded options.MaxIter or number of
function evaluations exceeded options.FunEvals, -1-the output function terminated

the algorithm, or -2-no feasible point was found.

Limitations

fmincon is a gradient-based method designed to work on problems where the ob-
jective and constraint functions are both continuous and have continuous first deriva-
tives.

When the problem is infeasible, fmincon attempts to minimize the maximum
constraint value. The trust-region-reflective algorithm does not allow equal upper
and lower bounds. For example, if Ib(2)=ub(2), fmincon gives this error: Equal upper
and lower bounds not permitted in this large-scale method. Use equality constraints
and the medium-scale method instead.

When using fmincon, the initial value/starting point we choose determines the
minimum value that will result. There may be more than one minimum value for a
given function, but only one will be the absolute min. We want to make sure we have

the absolute minimum.
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Tools in Matlab

Companion Matrix

In Matlab, a companion matrix of the monic polynomial p(t) = co + 1t + ... +
Crn1t"" 1 + 1" is a square matrix with ones on the subdiagonal and a negative times
each of the coefficients of the polynomial in the first row. The coefficients are listed

from left to right in decreasing order, i.e., ¢;,—1, ¢p_a..., co. A=compan(u) returns the

—u(2:n)
u(1)

corresponding companion matrix whose first row is , where u is of polynomial

coefficients. The eigenvalues of compan(u) are the roots of the polynomial.

Example of Compan Command

The polynomial

(z—1D(z—2)(z—3)=2>—Tx+6 (.1)
resultsinu=[1 0 —7 6]andif A=compan(u), we get
07 —6
A=110 0
01 0

The eigenvalues are the polynomial roots. Therefore eig(compan(u))=3, 2, 1.

Kronecker Tensor Product

K=kron(X,Y) returns the Kronecker Tensor Product of X and Y. The result is
a large array formed by taking all possible products between the elements of X and

those of Y. If X is m x n and Y is p X ¢, then kron(X,Y") is mp X ngq.
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Example of Kronecker Product Command in Matlab

If X is 2 x 3,
X(L1)*Y X(L,2)xY X(1,3)%Y
kron(X,Y) = (1, 1) (1,2) (1,3)
X(2,1)%Y X(2,2)%Y X(2,3) Y

Since our problem set up involves block matrices (which include the identity and zero
matrix), the Kronecker product command will be very useful. The number of blocks
in the block matrices is determined based on K, which we will choose to be any
number between 3 and 20. As a result, when K is large, using the Kronecker product

to construct the block matrices will come in handy.

Optimization Toolbox

The optimization toolbox consists of functions that perform maximization/minimization
on linear /nonlinear constrained /non-constrained objective functions.

Usually these routines require that the objective functions be defined in M-files.
Alternatively, a string variable containing a Matlab expression, with x representing
the independent variables, can be used. Optional arguments can be used in the

routines to change the optimization parameters and place bounds on the variables.

Replicating Matrices

Given a matrix A, B=repmat(A, m,n) creates a large matrix B consisting of an

m x n tiling of copies of A. repmat(A,n) creates an n x n tiling.
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Example of Repmat Command

B=repmat(eye(2),3,4) gives

_ O = O = O
- o = O = O
_ o = O = O
== T = e S S )

[ I R ==
= e =
S = O = O =
o = O = O =

For the above example, A=eye(2,2).

Reshape Command

B=reshape(A, m,n) returns the mxn matrix whose elements are taken column

wise from A. You will get an error if A does not have mxn elements in it.

Example of the Reshape Command in Matlab

Let
1 4 7 10

A=12 5 8 11
3 6 9 12

Then, if B=reshape(A4,2,6),

1357 9 11
B =
<24681012>
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Size Command

Suppose A is an m X n matrix. v=size(A,1) gives you m. v=size(A,2) gives you n.
So, the 1 or 2(or 3...) specifies if you want the length or width of the matrix or array.
If a positive number other than 1 or 2 is entered, then Matlab outputs a default value

of 1.
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Matlab Code

%Chapter 2

hSection 2.1

%Example 1

%This routine computes the minimal proper test signal v
%for Example 1.

JWe determine vx* by calculating the SVD of pinv(H)*X.
J%Hs below is the pseudoinverse of H multiplied by X
%(which was determined in pl.m).

function v = pO(HO,H1,X)
H=[HO, -H1];
Hs=pinv (H) *X;
[U,S,V]=svd(Hs); %This determines a svd of Hs.
%This following gives the minimal proper test signal.
v=(1/S(1,1))*V(:,1);
end

JExample 1 Data File

%This M-file defines the input variables that are used

»to compute the minimal test signal v* for Example 1.

%The following code will work for any K value greater than one.

function [HO,H1,X,m] = p1(K)

K=7;
%This K is a numerical value that indicates the number of time steps.
%If we change K here, we must change it to the same value in pd.m.

JBelow is a set of matrices used for Example 1.
%To check to make sure the code is reasonable we try a
%value for K>1.

AO=[1 -1;1 1]; %System input matrix for model O

A1=[1 -1;0 1]; %System input matrix for model 1

BO=[1 2;1 3]; %Input matrix for model O

B1=B0; %Input matrix for model 1

CO=[0 1]; %System output matrix for model O

C1=C0; %System output matrix for model 1

MO=[1 1 0;0 1 0]; %Additive uncertainty matrix for input model O
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M1=MO; %Additive uncertainty matrix for input model 1
NO=[0 0 1]; %Additive uncertainty matrix for output model O
N1=NO; %Additive uncertainty matrix for output model 1

%Variable dimensions for the model.

[n,n]=size(A0); %This gives the dimensions of the matrix AO.
[n,n]=size(A1); %This gives the dimensions of the matrix Al.
[n,m]=size(B0); %This gives the dimensions of the matrix BO.
[n,m]=size(B1); %This gives the dimensions of the matrix B1.
[r,n]=size(CO); %This gives the dimensions of the matrix CO.
[r,n]=size(C1); %This gives the dimensions of the matrix C1.
[n,pl=size(MO); %This gives the dimensions of the matrix MO.
[n,pl=size(M1); %This gives the dimensions of the matrix M1.
[r,pl=size(NO); %This gives the dimensions of the matrix NO.
[r,pl=size(N1); %This gives the dimensions of the matrix N1.

u=eye (1,K+1);

»u gives the missing elements needed to complete

%the companion matrix.

A=-compan(u) ;

%A is the companion matrix that has -1 on the subdiagonal
hand zeros elsewhere.

%A is then multiplied by A_i using the kronecker command.

%#This forms the 1st column of the M_O matrix.
m0=[A0; repmat(zeros(n,n), K-1,1)];

%This forms the 1st column of the M_1 matrix.
m1=[Al; repmat(zeros(n,n), K-1,1)];

%This forms the last column of each M_i matrix.
m2=[repmat (zeros(n,p) ,K,1)];

%This forms the 1st column of the N_O matrix.
n0=[CO; repmat(zeros(r,n),K,1)];
%This forms the 1st column of the N_1 matrix.
n1=[C1l; repmat(zeros(r,n),K,1)];

%These are block matrices whose block size is determined by K.
%Therefore, the block size for the matrices
J»will vary depending K.
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EO=eye (K*n,K*n)+kron(A,A0) ;

El=eye (K*n,K*n)+kron(A,Al);

M_0=[m0, kron(eye(K,K),M0), m2];

M_1=[m1, kron(eye(K,K),M1), m2];
B_O=kron(eye (K,K) ,B0) ;

B_1=kron(eye(K,K) ,B1);

C_O=[repmat (zeros(r,n),1,K); kron(eye(K,K),C0)];
C_1=[repmat(zeros(r,n),1,K); kron(eye(K,K),C1)];
N_0=[n0, kron(eye((K+1),(K+1)),NO)];

N_1=[n1, kron(eye((K+1),(K+1)),NO)];

%The matrices below are used to form the two y~i models.
%That is, y~i = X_i*v + H_ixu"i.

HO=C_0*(inv(E0))*M_0+N_O;

%HO is multiplied by the additive uncertainty term in y~O0.
H1=C_1*(inv(E1))*M_1+N_1;

%H1 is multiplied by the additive uncertainty term in y~1.
%This matrix is multiplied by the test signal in y~O0.
X0=C_0% (inv(E0))*B_0;

%»This matrix is multiplied by the test signal in y~1.
X1=C_1*(inv(E1))*B_1;

X=X1-X0; %X is used in pO.m.

%Example 1 Program Driver
%This is a driver file which accepts k as the input.
%This routine creates a plot of v as a function of k.

clear
figure(1)
clf

K=7; %This value is defined in pl.m.

J%We choose K as any number between [3,20].

%K is not a global variable, so it must be manually
Jchanged in pl.m and pd.m.

[HO,H1,X,m] = p1(XK)
%This calls the program that defines the
%block matrices based on K. It determines X_i and H_1i.
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v = pO(HO,H1,X)

%This calls the program that calculates

J»the minimum test signal, v*. v* is a long vector Kn by 1.

vd = reshape(v,m,K)

%»This changes v* into an n by K matrix.

%Each column represents the value of v* at each time step.

%For instance, the first column of the matrix corresponds to k=1.
%The second column corresponds to k=2, etc.

%This plots v* as a function of k.

vectM = [1 2 3 4 5];
colors = [’-r’ ’-b’ 7_g’ 1k ;_m;];

for i=1:m

M = vectM(i);

k=0:K-1;

figure(1)

hold on

plot(k,vd(i,:),colors(2*i-1:2%i))
%This graphs the first component of v over K time steps.
%Since m=2, v=[vO;v1].

axis ’auto’

xlabel(’k’);

ylabel(’v’);

title(’Plot of v vs. k’)

legend(’v_0’,’v_1");

hold off
end

hSection 2.2

%Example 2

%This routine solves the incipient problem with one
%fault for the optimal test signal w+*, which is used
Jto determine vx_inc = (1/dt)wx*.

function w = tO(Ht,Xtp)
H=[Ht, -Ht]; %Ht represents H(\theta).
Hp=pinv (H) *Xtp;
%This is the pseudoinverse of H multiplied by Xtp.
%Xtp represents X’ (\theta).
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[U,S,V]=svd(Hp); %This determines a svd of Hp.
%Due to approximation error this gives at least a
%suboptimal proper test signal.
w=V(:,1)/8(1,1);

end

%Example 2

%This routine solves for v2* in the incipient problem

Jwith one parameter.

%»This is done for the faulty case using the two model method.
%H2 is the pseudoinverse of H multiplied by Xtd.

function v2 = t02(Ht,Xtd)
H=[Ht, -Ht]; %Ht represents H(\theta).
H2=pinv (H) *Xtd;
[U,S,V]=svd(H2); %This determines a svd of H2.
%This is v* for the faulty incipient
%one parameter problem.
v2=V(:,1)/8(1,1);

end

%Example 2 Data File

%This M-file defines the input variables that are
Jused to compute the Jminimum control wk,

Jwhich is computed in tO.m.

function [Xt,Xtp,Ht,Xtd] = t1

t=0; %t represents \theta, which will be a fixed value.
dt=0.1; %This dt represents \delta\theta, a small error term.
%dt must be the same as the dt value in td.m.

%It will be either 0.1, 0.5, 1.0, or 10.0.

%Whatever value is chosen in td.m, must be the same value here.

Xt=[1+t t72; 2+(3*t) 2*(t"2); t~2+t 1];
%Xt is X(\theta) which will be given.

Xtp=[1 2*t; 3 4xt; 2*t+1 0];
%Xtp is the derivative of X(\theta) with respect to \theta.

Ht=[1 0 0;0 1 0;0 0 1];
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JHt is given and it represents H(\theta).
%This particular choice for H(\theta) is a constant matrix.

Xtd=[dt (2*xt*xdt)+(dt)~2; 3*x(dt) (4*xtxdt)+(2x(dt)"2);
2%t*xdt+((dt) ~2)+dt 0] ;
%Xtd is the difference between X(\theta+\delta\theta), X(\theta).

return

%Example 2 Driver
%This is a driver file that plots v* and v*_inc on the same graph.
%This routine creates a plot of v* and v*_inc as a function of time.

clear
figure(1)
clf

dt=0.1;

%hdt represents \delta\theta, a small error term.
%We choose either 0.1, 0.5, 1.0, or 10.0 and
%»it is the same value as the dt in tl.m.

%Given t and dt, this program calculates Xt, Xtp, Ht, Xtd.
[Xt,Xtp,Ht,Xtd] = t1;

w = tO(Ht,Xtp)

%»This calls the program that calculates the

Jminimum test signal w*. wx is used to determine v*_inc.
vi = (1/dt)*w %This computes v*_{inc}.

v2 = t02(Ht,Xtd)

%This calls the program that calculates the test signal wvx*.
JWe use the code from the two model static case

Jwith appropriate modifications.

%This plot compares v* and v*_inc for specified values
%hof dt and t=0.

figure(1)
hold on
plot(v2,’-r’)
plot(vi,’-b’)
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axis ’auto’

xlabel(’k’);

ylabel(’Test signal’);

title(’Plot Comparing v* and v*_{incl}’)
legend (’v*’,’vx_{inc}’);

hold off

%Chapter 3

hSection 3.1

JExample 4

%Safe Process Paper (SPP) Second Example
%This function represents the matrix X(\psi).

function X2=xfn(t,p)

X2=[1+t t72; 2+(3*p)-(2%t) 2x(p~2); (txp)+1 1];
%This matrix is X, which is given in the example.
return

JExample 4

%SPP Example 2

%This function is the derivative of X(\psi)
Jwith respect to \theta.

function Xt2=xdtfn(t,p)

Xt2=[1 2xt; -2 0; p 0];

%This is the derivative of the given matrix X
Jwith respect to \theta.

return

JExample 4

%SPP Example 2

%This function is the derivative of X(\psi)
J»with respect to \phi.

function Xp2=xdpfn(t,p)

Xp2=[0 0; 3 4xp; t 0];

%This is the derivative of the given matrix X
Jwith respect to \phi.

return
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%»The function below solves for the standard
htest signal v in Ex.2 in SPP.

%The method is used for the one parameter
hincipient problem and the static case.

%The standard test signal depends on E and dk

hand we take O \leq E \leq 1.

function v = vstar(E,dk)

dt=Exdk;

dp=(1-E) *dk;

x1=xfn(0,0); %Normal model

x2=xfn(dt,dp); %Faulty model

H3=[eye(3,3),-eye(3,3)];

[U,S,V]=svd(pinv(H3)*(x1-x2));

sig = S(1,1); %Largest singular value of pinv(H3)*(x1-x2)
gam = V(:,1); %Right singular vector that corresponds to sig.
%Test signal for special case found using the two model method.
v = (1/sig)*gam;

return

JExample 4

%SPP Example 2

%This function evaluates the inner min of the
hoptimization function over E.

%Given some x, we call this function in
Jgraphin.m and assign a value to x.

function fval = innermin(x)
EO = 0.25; %This is an initial guess for the minimum E.

w=[cos(x);sin(x)]; %norm(w)=1 is a constraint
Hd=pinv([eye(3,3),-eye(3,3)1);

a=Hd*xdtfn(0,0); %Substitution for the optmization function.
b=Hd*xdpfn(0,0); %Substitution for the optmization function.
inmaxval=Q(E) (norm(Exa*w + (1-E)*b*w))~2; J0Optimization function

options=optimset (’LargeScale’,’off’);
[EE, fval, exitflag, output] =
fmincon (inmaxval,EO0, [1,[],[],[],0,1,[],options)
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return

JExample 4

%SPP Example 2

%The loop below creates a plot of innermin(x)
hfor different values of x.

x=0:0.1:2%pi;

for i=1:length(x)

fval(i) = innermin(x(i));
end

plot(x,fval)

JExample 4
%SPP Example 2
%This is the driver file.

%This command clears the plot each time this M-file is run.

clear
figure(1)
clf

%This graphs the standard test signals and the
hincipient test signal.
JWe plot the test signals for different values of dk.

fval = innermin(0);
dk=.1; % This is the small error term and it will vary.

hIncipient test signal: v_inc=(1/dk)*(1/\zeta)*w.

vinc = (1/dk)*(1/sqrt(abs(fval)))*[cos(0);sin(0)]
hv_i=vstar(E,dk) are test signals found using
%the two model method.

vi=vstar(1l,dk) ;

v03=vstar(0.3,dk);

v05=vstar(0.5,dk);

v06=vstar(0.6,dk) ;

v07=vstar(0.7,dk) ;

v08=vstar(0.8,dk) ;
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v09=vstar(0.9,dk);
vO=vstar(0,dk) ;

%Figures 3.2, 3.3, and 3.4 in Chapter 3 are
hexamples from the Safe Process Paper.

JWe plot v and v_inc for dk=0.1,1 and

%E=0, 0.3, 0.5, 0.7, 0.9, 1.

x_vall = [0 v1(1)]’;
y_vall = [0 v1(2)]’;
axis([0 25 -5 25])

hold on
plot(x_vall,y_vall,’-k’)
hold on

x_val2 = [0 v03(1)]’;
y_val2 = [0 v03(2)]’;
plot(x_val2,y_val2,’-k’)
hold on

x_val3 = [0 v05(1)]7;
y_vald = [0 v05(2)]’;
plot(x_val3,y_val3,’-k’)
hold on

x_vald = [0 v06(1)]7;
y_vald = [0 v06(2)]°;
plot(x_vald,y_vald,’-k’)
hold on

x_vals = [0 vO7(1)]’;
y_vals = [0 vO7(2)]7;
plot(x_val5,y_val5,’-k’)
hold on

x_val6é = [0 v08(1)]’;
y_valé = [0 v08(2)]’;
plot(x_val6,y_val6,’-k’)
hold on

x_val7 = [0 v09(1)]’;
y_val7 = [0 v09(2)]’;
plot(x_val7,y_val7,’-k’)
hold on

x_val8 = [0 vinc(1)]’;
y_val8 = [0 vinc(2)]’;
plot(x_val8,y_val8,’-r’)
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hold on

%Section 3.2

%»San Antonio Paper Example 2

%This routine computes the minimal proper
Jstandard test signal vx*.

%v* is found by calculating the SVD of
Jpinv(H)*X, which are calculated in incl.m.

function v = incO(HO,H1,X)
H=[HO, -H1];
[U,S,V]=svd(pinv(H)*X) ;
sig = S(1,1);

gam = V(:,1);

v = (1/sig)*gam;

return

%San Antonio Paper Example 2
%This M-file defines the input variables
Jthat will be used to compute the minimal test signal vx*.

%The following code should work for any K value
hgreater than one.

%This file corresponds with incO.m,

Jwhich finds the standard test signals.

function [HO,H1,X] = inc1(K,dm,dk,dt)

K=5;

%This K is a numerical value that indicates

Jthe number of time steps.

%K must be the same value in incll.m, incl12.m, inc13.m, incd.m.

%Below is a set of matrices we will use for

Jthe test problem to check to see if the code is reasonable.
t1=2;

k=12;

d=0.2;

h=0.2;

%This step size h may vary and must be the same in

%incll.m, inci12.m, inc13.m.
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%dm,dk,dt may vary so they are defined in the function

Jwhich calls this input file.

%System input matrix for model O

AO0=[1 h;-hxk*tl -h*tlxd];

%System input matrix for model 1

A1=[1 h;-h*(k+dk)*(t1+dm) -h*(t1+dm)*(d+dt)];
BO=[0; hxt1]; %Input matrix for model O

B1=B0O; %Input matrix for model 1

CO=[0 1]; %System output matrix for model 0
C1=C0; %System output matrix for model 1
%Additive uncertainty matrix for input model O

MO=[1 1 0;0 1 0];

%Additive uncertainty matrix for input model 1

M1=MO;

%Additive uncertainty matrix for output model O

NO=[0 0 1];

%Additive uncertainty matrix for output model 1

N1=NO;

%Variable dimensions for the model.

[n,n]=size(A0); %This gives the
[n,n]=size(Al); %This gives the
[n,m]=size(BO); %This gives the
[n,m]=size(B1); %This gives the
[r,n]=size(CO); %This gives the
[r,n]=size(C1); %This gives the
[n,pl=size(M0); %This gives the
[n,pl=size(M1); %This gives the
[r,pl=size(NO); %This gives the
[r,pl=size(N1); %This gives the

u=eye (1,K+1);

dimensions
dimensions
dimensions
dimensions
dimensions
dimensions
dimensions
dimensions
dimensions
dimensions

»u gives the missing elements needed to

Jcomplete the companion matrix,
A=-compan(u) ;

%A is the companion matrix that has -1 on
Jthe subdiagonal and zeros elsewhere.
%A is then multiplied by A_i using the kronecker

of
of
of
of
of
of
of
of
of
of

the
the
the
the
the
the
the
the
the
the

matrix
matrix
matrix
matrix
matrix
matrix
matrix
matrix
matrix
matrix

command.

AO.
Al.
BO.
B1l.
CO.
C1.
MO.
M1.
NO.
N1.
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%This forms the 1st column of the M_O matrix.
m0=[A0; repmat(zeros(n,n), K-1,1)];

%This forms the 1st column of the M_1 matrix.
mil=[Al; repmat(zeros(n,n), K-1,1)];

%This forms the last column of each M_i matrix.
m2=[repmat (zeros(n,p) ,K,1)];

%This forms the 1st column of the N_O matrix.
n0=[CO; repmat(zeros(r,n),K,1)];
%This forms the 1st column of the N_1 matrix.
n1=[C1l; repmat(zeros(r,n),K,1)];

%These are block matrices whose block size is
Jhdetermined by K. Therefore, the block size for
Jthe matrices will vary depending on K.

E0=eye (K*n,K*n)+kron(A,A0) ;

El=eye (K*n,K*n)+kron(A,Al);

M_0=[m0, kron(eye(K,K),M0), m2];

M_1=[m1, kron(eye(K,K),M1), m2];
B_O=kron(eye(K,K) ,B0) ;

B_1=kron(eye(K,K) ,B1);
C_O=[repmat(zeros(r,n),1,K); kron(eye(K,K),C0)];
C_1=[repmat(zeros(r,n),1,K); kron(eye(K,K),C1)];
N_0=[n0, kron(eye((K+1),(K+1)),NO)];

N_1=[n1, kron(eye((K+1),(K+1)),NO)];

%The matrices below are used to form the two y~i
Jmodels, i.e., y"i = X_i*v + H_i*u"i.

HO=C_0*(inv(E0) )*M_0+N_O;

%HO is multiplied by the additive uncertainty term in y~0.

H1=C_1*(inv(E1))*M_1+N_1;

%H1 is multiplied by the additive uncertainty term in y~1.
%This matrix is multiplied by the test signal in y~O0.

X0=C_0*(inv(E0))*B_0;

%This matrix is multiplied by the test signal in y~1.

X1=C_1*(inv(E1))*B_1;
X=X0-X1; %X is one of the terms used in incO.m.
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%San Antonio Paper Example 2
%This M-file defines the input variables that
%will be used to compute the minimal test signal vx.

%This is the input file for xtl.m and it treats
J’\theta_1=m=t1 as a variable.
%This file corresponds with xtl.m.

function [C_0,C_1,E0,E1,B_0,B_1] = inc11(K,dm,dk,dt)

syms tl
%This input file leaves the variables symbolic.
JWe find the partial derivative with respect to t1l.

k=12;
d=0.2;

%dm,dk,dt may vary so they are defined in the function
Jwhich calls this input file.

h=0.2; %This step size may vary.

%K is a numerical value that indicates the number
%of time steps.

K=5;

%If we change K here, we must also change it to
Jthe same value in incd.m.

%Below is a set of matrices we will use for the

%test problem to check to see if the code is reasonable.

%System input matrix for model O

AO0=[1 h;-h*kxtl -h*xtlxd];

%System input matrix for model 1

A1=[1 h;-h*(k+dk)*(t1+dm) -h*(t1+dm)*(d+dt)];
BO=[0; hxt1]; %Input matrix for model O
B1=B0; %Input matrix for model 1

CO=[0 1]; %System output matrix for model 0
C1=C0; %System output matrix for model 1

MO=[1 1 0;0 1 0]; %Additive uncertainty matrix for input model 0

M1=MO; %Additive uncertainty matrix for input model 1

NO=[0 O 1]; %Additive uncertainty matrix for output model O
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N1=NO; %Additive uncertainty matrix for output model 1
%Variable dimensions for the model.

[n,n]=size(A0); %This gives the dimensions of the matrix AO.
[n,n]=size(A1); %This gives the dimensions of the matrix Al.
[n,m]=size(B0); %This gives the dimensions of the matrix BO.
[n,m]=size(B1); %This gives the dimensions of the matrix B1.
[r,n]=size(CO); %This gives the dimensions of the matrix CO.
[r,n]=size(C1); %This gives the dimensions of the matrix C1.
[n,pl=size(MO); %This gives the dimensions of the matrix MO.
[n,pl=size(M1); %This gives the dimensions of the matrix M1.
[r,pl=size(NO); %This gives the dimensions of the matrix NO.
[r,pl=size(N1); %This gives the dimensions of the matrix N1.

u=eye(1,K+1);

»u gives the missing elements needed to complete

Jthe companion matrix.

A=-compan(u) ;

%A creates the companion matrix that has -1 on the
Jsubdiagonal and zeros elsewhere.

%A is then multiplied by A_i using the kronecker command.

%This forms the 1st column of the M_O matrix.
m0=[A0; repmat(zeros(n,n), K-1,1)];

%This forms the 1st column of the M_1 matrix.
mi1=[Al; repmat(zeros(n,n), K-1,1)];

%This forms the last column of each M_i matrix.
m2=[repmat (zeros(n,p) ,K,1)];

%#This forms the 1st column of the N_O matrix.
n0=[CO; repmat(zeros(r,n),K,1)];
%This forms the 1st column of the N_1 matrix.
n1=[C1l; repmat(zeros(r,n),K,1)];

%These are block matrices whose block size is
hdetermined by K. Therefore, the block size for
J»the matrices will vary depending on K.

EO=eye (K*n,K*n)+kron(A,A0) ;
El=eye (K*n,K*n)+kron(A,Al);
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0=[mO, kron(eye(X,K),M0), m2];

1=[m1, kron(eye(K,K),M1), m2];

kron(eye (K,K) ,B0) ;

=kron(eye(X,K) ,B1);

[repmat (zeros(r,n),1,K); kron(eye(K,K),C0)];
[repmat (zeros(r,n),1,K); kron(eye(K,K),C1)];
[n0, kron(eye((K+1), (K+1)),NO)];
[

M_
M_
B_
B_
C_
C_
N_
N_1=[n1, kron(eye((K+1),(K+1)),NO)];

0=
1
0=
1
0=
1

%»The matrices below are used to form the two y~i models.
%sThat is, y~i = X_i*v + H_ixu"i.

HO=C_0*(inv (E0) ) *M_0+N_0;

%HO is multiplied by the additive uncertainty term in y~O0.
H1=C_1*(inv(E1) )*M_1+N_1;

%H1 is multiplied by the additive uncertainty term in y~1.
%This matrix is multiplied by the test signal in y~O0.
X0=C_0*(inv(E0))*B_0;

%This matrix is multiplied by the test signal in y~1.
X1=C_1*(inv(E1))*B_1;

X=X1-X0; %X is used in incO.m.

/San Antonio Paper Example 2
%This M-file defines the input variables that will be used

»to compute the minimal test signal vx.

%»This is the input file for xt2.m and it treats

s\theta_2=k as a variable. This file corresponds with xt2.m.

function [C_0,C_1,E0,E1,B_0,B_1] = inc12(K,dm,dk,dt)

syms k
%This input file leaves the variables symbolic.

t1=2;
d=0.2;

%dm,dk,dt may vary so they are defined in the function
Jwhich calls this input file.

h=0.2; %This step size may vary.
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%»This K is a numerical value that indicates the
Jnumber of time steps.

K=5;

%If we change K here, we must change it to the
Jisame value in incd.m.

JBelow is a set of matrices we will use for the
Jtest problem to check to see if the code is reasonable.

/System input matrix for model O

AO=[1 h;-h*k*tl -hxtlxd];

%System input matrix for model 1

A1=[1 h;-h*(k+dk)*(t1+dm) -h*(tl1+dm)*(d+dt)];

BO=[0; hxt1]; %Input matrix for model O

B1=B0O; %Input matrix for model 1

CO=[0 1]; %System output matrix for model 0

C1=C0; %System output matrix for model 1

MO=[1 1 0;0 1 0]; %Additive uncertainty matrix for input model 0
M1=MO; %Additive uncertainty matrix for input model 1

NO=[0 O 1]; %Additive uncertainty matrix for output model O
N1=NO; %Additive uncertainty matrix for output model 1

%Variable dimensions for the model.

[n,n]=size(A0); %This gives the dimensions of the matrix AO.
[n,n]=size(A1); %This gives the dimensions of the matrix Al.
[n,m]=size(B0); %This gives the dimensions of the matrix BO.
[n,m]=size(B1); %This gives the dimensions of the matrix B1.
[r,n]=size(CO); %This gives the dimensions of the matrix CO.
[r,n]=size(C1); %This gives the dimensions of the matrix C1.
[n,pl=size(MO); %This gives the dimensions of the matrix MO.
[n,pl=size(M1); %This gives the dimensions of the matrix M1.
[r,pl=size(NO); %This gives the dimensions of the matrix NO.
[r,pl=size(N1); %This gives the dimensions of the matrix N1.

u=eye(1,K+1);

J»u gives the missing elements needed to
Jhcomplete the companion matrix.

A=-compan(u) ;

%A is the companion matrix that has -1 on the
Jhsubdiagonal and zeros elsewhere.
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%A is then multiplied by A_i using the kronecker command.

%This forms the 1st column of the M_O matrix.
m0=[A0; repmat(zeros(n,n), K-1,1)];

%This forms the 1st column of the M_1 matrix.
ml1=[Al; repmat(zeros(n,n), K-1,1)];

%This forms the last column of each M_i matrix.
m2=[repmat (zeros(n,p) ,K,1)];

%#This forms the 1st column of the N_O matrix.
n0=[CO; repmat(zeros(r,n),K,1)];
%This forms the 1st column of the N_1 matrix.
n1=[C1l; repmat(zeros(r,n),K,1)];

%These are block matrices whose block size is
Jdetermined by K. Therefore, the block size for the
Jmatrices will vary depending on our choice of K.

EO=eye (K*n,K*n)+kron(A,A0) ;

El=eye (K*n,K*n)+kron(A,Al);

M_0=[mO, kron(eye(K,K),M0), m2];

M_1=[m1, kron(eye(K,K),M1), m2];
B_O=kron(eye(K,K) ,B0) ;

B_1=kron(eye(K,K) ,B1);

0=[repmat (zeros(r,n),1,K); kron(eye(K,K),C0)];
1=[repmat(zeros(r,n),1,K); kron(eye(K,K),C1)];
0=[n0, kron(eye((K+1),(K+1)),NO)];
1

C_
C_
N_
N_1=[n1, kron(eye((K+1),(K+1)),NO)];

%The matrices below are used to form the two y~i models.
%That is, y~i = X_i*v + H_ixu"i.

HO=C_0*(inv (E0) ) *M_0+N_0;

%HO is multiplied by the additive uncertainty term in y~O.
H1=C_1*(inv(E1))*M_1+N_1;

%H1 is multiplied by the additive uncertainty term in y~1.
%»This matrix is multiplied by the test signal in y~0.
X0=C_0% (inv(E0))*B_0;

%This matrix is multiplied by the test signal in y~1.
X1=C_1*(inv(E1))*B_1;

X=X1-X0; %X is used in incO.m.
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%San Antonio Paper Example 2
%This M-file defines the input variables that will
%be used to compute the minimal test signal wv*.

%»This is the input file for xt3.m and it treats
J»\theta_3=d as a variable.
%This file corresponds with xt3.m.

function [C_0,C_1,E0,E1,B_0,B_1] = inc13(K,dm,dk,dt)

syms d
%This input file leaves the variables symbolic.

t1=2;
k=12;

%dm,dk,dt may vary so they are defined in the function
Jwhich calls this input file.

h=0.2; %This step size may vary.

K=5; %This K is a numerical value that indicates the
Jnumber of time steps.

%If we change K here, we must change it to the

%same value in incd.m.

%Below is a set of matrices we will use for the

htest problem to check to see if the code is reasonable.

%System input matrix for model 0

AO=[1 h;-h*k*tl -hxtlxd];

sSystem input matrix for model 1

A1=[1 h;-h*(k+dk)*(t1+dm) -hx*(tl+dm)*(d+dt)];
BO=[0; hxt1]; %Input matrix for model O
B1=B0; %Input matrix for model 1

CO=[0 1]; %System output matrix for model 0
C1=C0; %System output matrix for model 1

MO=[1 1 0;0 1 0]; %Additive uncertainty matrix for input model O

M1=MO; %Additive uncertainty matrix for input model 1

NO=[0 0 1]; %Additive uncertainty matrix for output model O

N1=NO; %Additive uncertainty matrix for output model 1
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%Variable dimensions for the model.

[n,n]=size(A0); %This gives the dimensions of the matrix AO.
[n,n]=size(A1); %This gives the dimensions of the matrix Al.
[n,m]=size(BO); %This gives the dimensions of the matrix BO.
[n,m]=size(B1); %This gives the dimensions of the matrix B1.
[r,n]=size(CO); %This gives the dimensions of the matrix CO.
[r,n]=size(C1); %This gives the dimensions of the matrix C1.
[n,pl=size(MO); %This gives the dimensions of the matrix MO.
[n,pl=size(M1); %This gives the dimensions of the matrix M1.
[r,pl=size(NO); %This gives the dimensions of the matrix NO.
[r,pl=size(N1); %This gives the dimensions of the matrix N1.

u=eye(1,K+1);

J»u gives the missing elements needed to

Jhcomplete the companion matrix.

A=-compan(u) ;

%A is the companion matrix that has -1 on the
Jsubdiagonal and zeros elsewhere.

%A is then multiplied by A_i using the kronecker command.

%This forms the 1st column of the M_O matrix.
m0=[A0; repmat(zeros(n,n), K-1,1)];

%This forms the 1st column of the M_1 matrix.
mil=[Al; repmat(zeros(n,n), K-1,1)];

%This forms the last column of each M_i matrix.
m2=[repmat (zeros(n,p) ,K,1)];

%This forms the 1st column of the N_O matrix.
n0=[CO; repmat(zeros(r,n),K,1)];
%This forms the 1st column of the N_1 matrix.
n1=[C1l; repmat(zeros(r,n),K,1)];

%»These are block matrices whose block size is
hdetermined by K. Therefore, the block size for
Jthe matrices will vary depending on our choice of K.

E0=eye (K*n,K*n)+kron(A,A0) ;
El=eye (K*n,K*n)+kron(A,Al);
M_0=[m0, kron(eye(K,K),M0), m2];
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M_1=[m1, kron(eye(K,K),M1), m2];
B_O=kron(eye(K,K) ,B0) ;

B_1=kron(eye(K,K) ,B1);
C_O=[repmat(zeros(r,n),1,K); kron(eye(K,K),C0)];
C_1=[repmat(zeros(r,n),1,K); kron(eye(K,K),C1)];
N_0=[n0, kron(eye((K+1),(K+1)),NO)];

N_1=[n1, kron(eye((K+1),(K+1)),NO)];

%The matrices below are used to form the two y~i models.
%That is, y~i = X_i*v + H_ixu"i.

HO=C_0*(inv (E0) ) *M_0+N_0;

%HO is multiplied by the additive uncertainty term in y~0.
H1=C_1*(inv(E1) ) *M_1+N_1;

%H1 is multiplied by the additive uncertainty term in y~1.
%»This matrix is multiplied by the test signal in y~0.
X0=C_0#* (inv(E0))*B_0;

%This matrix is multiplied by the test signal in y~1.
X1=C_1*(inv(E1))*B_1;

X=X1-X0; %X is one of the terms used in incO.m.

%San Antonio Paper Example 2

%This function is the derivative of X(\theta)
Jwith respect to \thetal=m.

%The formula from Section 3 of the

%Safe Process Paper is used.

%The partial has been calculated.

%Then a numerical value is assigned to m=t1.

function Xmd=xt1(t1,k,d)
syms tl %Treats tl as a variable.

%%[C_0,C_1,E0,E1,B_0,B_1] = inc11(K,dm,dk,dt);
[c_0,C_1,E0,E1,B_0,B_1] = inc11(5,-1.1,-4,0.2);
J%Here we take K=5.

%Choose values for the drift parameters,

Jwhich will vary depending on the fault condition.

%Be sure to use the same values for K and the drift parameters
%»in all of the programs related to this problem,
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hexcept plotin2.m, out2.m, incO.m.

JWe find the partial derivative with respect to each variable
%so that we can determine our optimization function.
C_Opd=@(t1) diff(C_0,t1);

B_Opd=0@(t1) diff(B_0,t1);

EOpd=@(t1) diff(EO0,t1);

C_1pd=@(t1) diff(C_1,t1);

B_1pd=@(t1) diff(B_1,t1);

Elpd=@(t1) diff(E1,t1);

X_m0=(C_0pd(t1))*inv(E0)*(B_0)-(C_0)*inv(E0)*(EOpd (t1))*inv (E0) *
(B_0+(C_0)*inv(E0) *(B_Opd (t1));

X_m1=(C_1pd(t1))*inv(E1)*(B_1)-(C_1)*inv(E1)*(Elpd(t1))*inv(E1)*
(B_1)+(C_1)*inv(E1)*(B_1pd(t1));

Xm= X_m1-X_mO;

Xmd = subs(Xm, t1, 2);

return

%San Antonio Paper Example 2

%This function is the derivative the matrix X(\theta)
Jwith respect to \theta2=k.

%The formula from Section 3 of the

%Safe Process Paper is used.

%After the partial has been calculated.
%Then a numerical value is assigned to k.
function Xkd=xt2(t1,k,d)

syms k %Treats k as a variable.

%%[C_0,C_1,E0,E1,B_0,B_1] = inc12(K,dm,dk,dt);
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(C_0,C_1,E0,E1,B_0,B_1] = inc12(5,-1.1,-4,0.2);
JHere we take K=5.

%#Choose values for the drift parameters,

Jwhich may vary within their given ranges.

JWe must make sure we use the same values for K and
%»the drift parameters in all of the programs related to
%this problem, except for plotin2.m, out2.m, incO.m.
C_Opd=@(k) diff(C_0,k);

B_Opd=@(k) diff(B_0,k);

EOpd=@(k) diff(EO0,k);

C_1pd=@(k) diff(C_1,k);

B_1pd=@(k) diff(B_1,k);

Eipd=@(k) diff(El,k);

X_k0=(C_0pd (k) ) *inv(E0)*(B_0)-(C_0) *inv (E0) * (EOpd (k) ) *inv (EO) *
(B_0)+(C_0) *inv (E0) *(B_Opd (k)) ;

X_k1=(C_1pd(k))*inv(E1)*(B_1)-(C_1)*inv(E1) *(Elpd (k) ) *inv(E1) *
(B_1)+(C_1)*inv(E1) *(B_1pd(k)) ;

Xk= X_k1-X_kO;
Xkd = subs(Xk, k, 12);
return

%San Antonio Paper Example 2

%This is the derivative of matrix X(\theta)
Jwith respect to \theta3=d.

%»The formula from Section 3 of the

%Safe Process Paper is used.

hAfter the partial has been calculated.
%Then a numerical value is assigned to d.
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function Xdd=xt3(t1,k,d)

syms d %Treats d as a variable.
%%[C_0,C_1,E0,E1,B_0,B_1] = inc13(K,dm,dk,dt);
(C_0,C_1,E0,E1,B_0,B_1] = inc13(5,-1.1,-4,0.2);
JHere we take K=5.

%#Choose values for the drift parameters,

Jwhich may vary within their given ranges.

/Be sure to use the same values for K and the
hdrift parameters in all of the programs related to
%this problem, except for plotin2.m, out2.m, incO.m.
C_Opd=@(d) diff(C_0,d);

B_Opd=0(d) diff(B_0,d);

EOpd=@(d) diff(EO0,d);

C_1pd=@(d) diff(C_1,d);

B_1pd=0@(d) diff(B_1,d);

Elpd=@(d) diff(E1,d);

X_d0=(C_0pd(d))*inv(E0)*(B_0)-(C_0)*inv(E0) * (EOpd(d))*inv (EO0) *
(B_0)+(C_0) *inv (E0) *(B_Opd(d)) ;

X_d1=(C_1pd(d))*inv(E1)*(B_1)-(C_1)*inv(E1)*(Elpd(d) ) *inv(E1) *
(B_1)+(C_1)*inv(E1)*(B_1pd(d));

Xd=X_d1-X_d0;

Xdd = subs(Xd, d, 0.2);
return

%»San Antonio Paper Example 2

%This function evaluates the inner min of the
%optimization function.
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%This is done over the \alpha_i’s given some x.
function z = innermin2(x)
K=5; %This is the final time step and will vary.

%This is an initial guess for the minimum \alphal,
%\alpha2,\alpha3.
yo = [-1.1; -4; 0.2];

%We want the norm(w)=1.

%Also, the row dimension of w must be the size of K,
%i.e. w is a Kx1 vector.
w=[sin(x(1))*sin(x(2))*cos(x(3));
sin(x(1))*sin(x(2))*sin(x(3))*cos(x(4));
sin(x(1))*sin(x(2))*sin(x(3))*sin(x(4));
cos(x(1));sin(x(1))*cos(x(2))]1;

%[HO,H1,X] = incl(K,dm,dk,dt); %Calls input function file.
[HO,H1,X] = inc1(X,-1.1,-4,0.2);

%»Input file with assigned values for the parameters

%hand the drift parameters.

Hd=pinv([HO, -H1]);%The pseudoinverse of H is calculated here.

t1=2; %For the normal case, tl=m.
k=12; YNormal value for this mechanical system where k=s.
d=0.2; %Normal value for this mechanical system.

a=Hd*xt1(t1l,k,d); %Substitution for the optmization function.
b=Hd*xt2(tl,k,d); %Substitution for the optmization function.
c=Hd*xt3(t1l,k,d); %Substitution for the optmization function.

%0ptimization function
inmaxvall=@(y) (100* (norm(y(1)*a*w + y(2)*bxw + y(3)*c*w)) 2);

hoptions=optimset (’LargeScale’,’off’);

lyy, fval, exitflag, output] =
fmincon(inmaxvall,y0, [1,[],0],0,[-1.1; -4; 0.2],
[-0.9; -2; 0.41),[],options)

z=fval/100;
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return

%»San Anotnio Paper Example 2
%0ptimization function used to find the max x

function z = myinner(x)
z = —innermin2(x);

%»San Antonio Paper Example 2
%This function evaluates the outer max of the

hoptimization function over x.

function vinc = outer2(z)

%This is an initial guess for the minimum al,a2,a3.

x0 = [pi/4;pi/2;pi/4;pi/2];

a=z; ‘%Does nothing.

K=5;

h=0.2; %This step size may vary.

%Note that a wider interval is being used so that
Jwe do not get stuck at the edges as a solution.

myinner=0(x) (-innermin2(x));

options=optimset (’LargeScale’,’off’);

[xx, ffval, exitflag, output] =
fmincon(myinner,x0, [1,[1,[]1,[],[-1.1%pi;-1.2%pi;

-1.1%pi;1.1*xpi], [1.1%pi;2.1*pi;1.1*pi;1.1*pi],[],options)

%This is the maximum value of the function.
ffval=-ffval

%We want to use the x that maximizes the
%ioptimization function.
X=XX;

%w is a vector and the row dimension of w will be
%the same as the value of K.
w=[sin(x(1))*sin(x(2))*cos(x(3));
sin(x(1))*sin(x(2))*sin(x(3))*cos(x(4));
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sin(x(1))*sin(x(2))*sin(x(3))*sin(x(4));
cos(x(1));sin(x(1))*cos(x(2))]1;

%To calculate the incipient test signal we use:
%v_inc=(1/dk)*(1/\zeta) *w.

%dk=1; Since dk=1, we take \alpha_i=\delta\theta_i.
vinc=(1/dk) (1/sqrt(ffval))*w;

return

% San Antonio Paper Example 2

% This graphs the standard test signals and the
hincipient test signal for different al,a2,a3
%values for Ex.2 in San Antonio Paper.

%This command clears the plot each time this M-file is run.

clear
figure(1)
clf

h=0.2; %This is the step size.
K=5; %We plot this test signal as a function of time t.
%Final time: K=5.

%This calls the function file that calculates the
Jstandard test signal.
%»v=inc0(\alphal,\alpha2,\alpha3)=inc0(dt1,dt2,dt3)=inc0(dm,dk,dt) .

%[HO,H1,X] = inc1(K,dm,dk,dt) %Calls input function file.
[HO,H1,X] = inc1(K,-1.1,-4,0.2);
vO = inc0(HO,H1,X);

[HO,H1,X] = inc1(K,-1.1,-4,0.4);
v1=incO(HO,H1,X);

[HO,H1,X] = inc1(K,-1.1,-2,0.2);
v2=inc0(HO,H1,X);

[HO,H1,X] = inc1(K,-1.1,-2,0.4);
v3=1inc0(HO,H1,X);

[HO,H1,X] = inc1(K,-0.9,-4,0.2);
v4=incO(HO,H1,X);

[HO,H1,X] = inc1(K,-0.9,-4,0.4);
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v5=inc0(HO,H1,X);
[HO,H1,X] = inc1(K,-0.9,-2,0.2);
v6=inc0(HO,H1,X);
[HO,H1,X] = inc1(X,-0.9,-2,0.4);
v7=inc0(HO,H1,X);

JWe compare plots of v and v_inc for dk=1 and use
hdifferent \alpha_i values.

hIncipient test signal: v_inc=(1/dk)*(1/\zeta)*w.
%Calculated in outer2.m.
v_inc = [18.2136; -8.6901; -2.8236; 0.0485; 0.0000]

kk=0:K-1;
plot (kk,vO0)
hold on
plot(kk,v1)
hold on
plot(kk,v2)
hold on
plot (kk,v3)
hold on
plot (kk,v4)
hold on
plot (kk,v5)
hold on
plot (kk,v6)
hold on
plot (kk,v7)
hold on
plot(kk,v_inc,’-r’)
hold on

%Chapter 4

%Section 4.6

sContinuous Time Example 1

%»Solves inner minimum of the system,
Jwhich we call ’vall’, using bvp4c.

%This gives the solution to the boundary value problem.

JsUntransformed Problem in paper entitled
%"Active incipient fault
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Jhdetection in continuous time systems with multiple faults"

%This is the innermost min for n=1.
%function vall = innerminil(dt)
%#This is the innermost min for n>1.
function vall = innermini(d,dt)

JWe take norm(c)=1 and use the following parameterization.
%c=[cos(d(1)); sin(d(1))]; %For n=2

%For v 3-dimensional.

% c=[cos(d(1))

b sin(d(1))*cos(d(2))

yA sin(d(1))*sin(d(2))];

JWe take norm(c)=1 and use the following parameterization.
%For v 5-dimensional.
c=[cos(d(1))
sin(d(1))*cos(d(2))
sin(d(1))*sin(d(2))*cos(d(3))
sin(d(1))*sin(d(2))*sin(d(3))*cos(d(4))
sin(d(1))*sin(d(2))*sin(d(3))*sin(d(4))];

L=4; %\omega=L
solinit = bvpinit(linspace(0,L,12),@bvp2init);
options = bvpset(’Stats’,’on’,’RelTol’,le-7);

%»The following line integrates the

%hsystem of differential equations on the
hinterval [0, \omega]

%subject to two point boundary conditions.
sol = bvp4c(@bvp2,0@bvp2bc,solinit,options);

t=1linspace(0,L,50);
y=deval(sol,t);

% figure(1)

% plot(t,y(1:4,:))

% xlabel(’Time’)

% ylabel(’State Variable z’)

% title(’Solutions for z(0)’)

% legend(’x1’,’x2’,’xhatl’,’xhat2’)
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% figure(2)

% plot(t,y(9,:))

% xlabel(’Time’)

% ylabel(’Value of \eta’)

% title(’Solutions for \eta’)

function yprime = bvp2(x,y)

%The components of y correspond to the original variables
has y(1)=z, y(2)=\lambda, y(3)=\eta.

t1=0.1; %\theta_1

t2=1.0; %\theta_ 2

% dt(i)=\delta\theta_i %Perturbations

[-(t1) t2 0 0; 1 =(t1) 0 0; 0 0 -(t1+dt(1)) t2+dt(2);
0 1 -(t1+dt(1))]; %\tilde{A}

[051;0;1]; %\tilde{B}
[
[

=[1 0 -1 0]; %\tilde{C}

A
0
B
C
M=[1 000; 01 00; 0010; 000 1]; %\tilde{M}

z=y(1:4); %This accounts for the first four rows
%of the first column.

lam=y(5:8);

heta=y(9,1);

Y%vval=v(x); %For n=1

vval=v(c,x); %For n>1

yprime = [Axz+B*vval-0.5%M*M’*1lam

—-A’*lam-C’ *Cxz

0.25%1am’ *M*M’*x1am+0.5%z’ *C’ *C*z] ;
end

function res = bvp2bc(ya,yb)
%The bvp is solved with RES=0.
%The time interval is [0 L] and the boundary conditions are:
h
A \lambda(0)=-0.5z(0), \lambda(L)=0, \eta(0)=0.
b
hya corresponds to the initial time,
%yb corresponds to the final time.
res = [ya(5:8,1)+0.5xya(1:4,1)
yb(5:8,1)
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ya(9,1)];
end

function yinit = bvp2init(x)

%This is the initial guess for the solutions:
%z, \lambda, r, and q:

yinit = [0.5 0 0.25 0.5 0.5 0 1 1 0]’;

end

%function vval = v(x) %For n=1

function vval = v(c,x) %For n>1

L=4; %\omega=L

g=sqrt(2/L);

%This is the form of the test signal v

%and also the optimization function.
hvval=gxsin(pi*x/L); %n=1
hvval=c(1)*g*sin(pi*x/L)+c(2)*g*xsin(2*pixx/L); %n=2
hvval=(c(1)*g*sin (pi*x/L)+c(2)*g*sin (2*xpi*x/L)+
%hc(3)*gxsin(3*pi*x/L)); %n=3
vval=g*(c(1)*sin(pi*x/L)+c(2)*sin(2*pi*x/L)+
%c(3) *sin(3*pi*x/L)+c(4)*sin(4*pi*x/L)+
%hc(5)*sin(5xpixx/L)); %n=5

end

%This function gives the value of the inner minimum.

%The equation below is \eta at the final time plus z(0)’*z(0).
vall = ( y(9, 50) + (y(1:4,1))’*(y(1:4,1)))*1000;

JWe multiply vall by 1000 to speed up the code.

end

%Continuous Time Example 1
%This M-file optimizes over the perturbations dt.
%This gives the overall minimum.

%This gives the overall minimum for n=1.
%function [dt,val2] = innermin2

%»This gives the overall minimum for n>1.
function val2 = innermin2(d)

dto=[1 2.5]";
%The line below optimizes the parameter
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Jhvector of incipient perturbations.

%innermin=0(dt) (innermini1(dt)); %For n=1

innermin=0(dt) (innermini(d,dt)); %For n>1
options=optimset(’LargeScale’,’off’);
[dt,val2,exitflag,output] = fmincon(innermin,dt0,[],[],[],[],
[1,2]°,[2,4]’,[],options);

end

%Continuous Time Case

JExample 1

%Example 2

%This function optimizes d from innerminl.m.
%This function allows us to find the optimal
Jparameter c of v.

function [d,val3] = outm %0Outer maximization over d.

%This is an initial guess for d.

%d0=pi/2; %n=2

%»d0 = [2.5 2.5]7; %n=3

do = [2.5 2.5 2.5 2.5]’; %n=b

inner1=0(d) (-innermin2(d)) ;%This is the objective function.
options=optimset (’LargeScale’,’off’,’Display’,’iter’);

%For v with 2 parameters.

%ld, val3, exitflag, output] = fmincon(inner1,do0,([],[],[1,[],
%0,pi, [],options) %n=2

hFor v with a vector of 3 parameters.

%hld, val3, exitflag, output] = fmincon(inner1,do0,([],[],[],[],
%[-1 -11°,[5 5], [],options) %n=3

sFor v with a vector of 5 parameters.

[d, val3, exitflag, output] = fmincon(inner1,do0,[],[1,[],[],
%[-1 -1 -1 -11°,[5 5 5 5]’,[],options) %n=5

end

%Continuous Time

JExample 1

JExample 2

sProduces Figures 4.2,4.3,4.4,4.5,4.6
%Produces Figures 4.7,4.8,4.9,4.10,4.11
%Plot for optimal proper test signal wvx
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n=5; %We will also try n=5. This is the dimension of v.
L=4; %Final time.

g=sqrt(2/L);

x=linspace(0,4,50);

%[dt,val2]=innermin?2 %For n=1
[d,val3] = outm %For n>1

%The following is the computed value for vector c
Jbased on our optimal d.

%hc2=[cos(d(1)); sin(d(1))] %For n=2.

% norm(c3)=1 based on the parameterization used.
% c3=[cos(d(1))

yA sin(d(1))*cos(d(2))

h sin(d(1))*sin(d(2))]

% norm(cb5)=1 based on the parameterization used.
cb=[cos(d(1))
sin(d(1))*cos(d(2))
sin(d(1))*sin(d(2))*cos(d(3))
sin(d(1))*sin(d(2))*sin(d(3))*cos(d(4))
sin(d(1))*sin(d(2))*sin(d(3))*sin(d(4))]

%Below is the form of the test signal, \bar{v}.
hvvall=gxsin(pi*x/L); %n=1
hvval2=c2(1)*gxsin(pi*x/L)+c2(2)*g*xsin(2*pix*x/L); %n=2
hvval3d=c3(1)*gxsin(pi*x/L)+c3(2)*gxsin(2*xpi*x/L)+
%c3(3) *gxsin(3*pixx/L); %n=3
vvalb=g*(c5(1)*sin(pi*x/L)+c5(2)*sin(2*pixx/L)+
c5(3)*sin(3*pi*x/L)+c5(4)*sin(4*pi*xx/L)+
c5(5)*sin(5*pi*x/L)); %n=5

val3=-val3;

%The optimal proper test signal is v*=\bar{v}/sqrt(F),
%where F is the value of the overall minimum.

hvval2, vval3, vvalb are test signal form.

% v1=sqrt(1000)*vvall/sqrt(val2);

% norm(vl/vvall)

% v2=sqrt(1000)*vval2/sqrt(val3);

% norm(v2/vval2) %The norm of v*.

% v3=sqrt(1000)*vval3/sqrt(val3); %Test signal with scaling.
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% norm(v3/vval3);
vb=sqrt (1000) *vvalb/sqrt(val3d); %Test signal with scaling.
norm(v5/vvalb)

xlabel(’Time’)

ylabel(’Test Signal, v’)

title(’Plot of the optimal proper incipient test signal vx’)
hold all

% plot(x,vl,’k’)

% plot(x,v2,’g’)

% plot(x,-v3,’r’)

plot(x,-v5,’b’)

%sContinuous Time

%Example 1

%0ptimization landscape when d is two dimensional
%hSurface plot of z=innermin2(d)

x=0:0.2:3.0; y=0:0.2:3.0; %Set up x and y as vectors
[X,Y]=meshgrid(x,y); %Form the grid for plotting
z=zeros(16,16); %Initializes z
for i=1:16,
for j=1:16,
a=[x(1),y()]1’;
JFunction to plot; creates the height
z(i,j)=innermin2(d) ;
end
end
title(’3-D Plot of innermin2(d)’)
hold all
colormap(jet); %Set colors
surf(X,Y,z); %Draw surface
axis([0 3.5 0 3.5 -1 -0.1]) %Set up axes

sContinuous Time Second Example

%»Solves inner minimum of the system,

Jwhich we call ’vall’, using bvp4c.

%This gives the solution to the boundary value problem.
JsUntransformed Problem in paper entitled

%"Active incipient fault detection in
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hcontinuous time systems with multiple faults"

%This is the innermost min for n=1.
function vall = innerminii(dt)
%#This is the innermost min for n>1.
%function vall = innermini11(d,dt)

JWe take norm(c)=1 and use the following parameterization.
%c=[cos(d(1)); sin(d(1))]; %For n=2

%For v 3-dimensional.

% c=[cos(d(1))

b sin(d(1))*cos(d(2))

yA sin(d(1))*sin(d(2))];

JWe take norm(c)=1 and use the following parameterization.
%For v 5-dimensional.

% c=[cos(d(1))

yA sin(d(1))*cos(d(2))

% sin(d(1))*sin(d(2))*cos(d(3))

% sin(d(1))*sin(d(2))*sin(d(3))*cos(d(4))

% sin(d(1))*sin(d(2))*sin(d(3))*sin(d(4))];

L=4; %\omega=L
solinit = bvpinit(linspace(0,L,12),@bvp2init);
options = bvpset(’Stats’,’on’,’RelTol’,le-7);

%The following line integrates the system

%hof differential equations on the interval [0, \omega]
%subject to two point boundary conditions.

sol = bvp4c(@bvp2,@bvp2bc,solinit,options);

t=linspace(0,L,50);
y=deval(sol,t);

% figure(1)

% plot(t,y(1:4,:))

% xlabel(’Time’)

% ylabel(’State Variable z’)

% title(’Solutions for z(0)’)

% legend(’x1’,’x2’,’xhatl’,’xhat2’)
% figure(2)
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% plot(t,y(9,:))

% xlabel(’Time’)

% ylabel(’Value of \eta’)

% title(’Solutions for \eta’)

function yprime = bvp2(x,y)

%The components of y correspond to the original variables
has y(1)=z, y(2)=\lambda, y(3)=\eta.

t1=0.3; %\theta_1

t2=4.0; J\theta 2

%ht3=1; %\theta_3

% dt(i)=\delta\theta_i %Perturbations

A=[-(£1) -t2 0 0; 1 -(£1) 0 0; 0 O —-(t1+dt(1)) -(£2+dt(2));
0 01 -(t1+dt(1))]; %\tilde{A} with 2 parameters
BA=[-(£1)*(t3) -t2 0 0; 1 -(t1) O O;

%0 0 —(t1+dt (1)) *(t3+dt(3)) -(t2+dt(2));

%0 0 1 -(t1+dt(1))]; %\tilde{A} with 3 parameters
B=[0;1;0;1]; %\tilde{B}

C=[1 0 -1 0]; %\tilde{C}

M=[1 000; 0100; 0010; 000 1]; %\tilde{M}

%This accounts for the first four rows of the first column.
z=y(1:4);

lam=y(5:8) ;

heta=y(9,1);

vval=v(x); %For n=1

Y%vval=v(c,x); %For n>1

yprime = [A*z+Bxvval-0.5*M*M’*1lam
-A’*1am-C’ *Cxz
0.25%1lam’*M*M’*1am+0.5%z’ *C’ *C*xz] ;
end

function res = bvp2bc(ya,yb)
%The bvp is solved with RES=0.

%The time interval is [0 L] and the boundary conditions are:

b

% \lambda(0)=-0.5z(0), \lambda(L)=0, \eta(0)=0.
hya corresponds to the initial time,

%yb corresponds to the final time.
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res = [ya(5:8,1)+0.5xya(1:4,1)
yb(5:8,1)
ya(9,1)];

end

function yinit = bvp2init(x)

%This is the initial guess for the solutions:
%z, \lambda, r, and q:

yinit = [0.5 0 0.25 0.5 0.5 0 1 1 0]7;

end

function vval = v(x) %For n=1

%function vval = v(c,x) %For n>1

L=4; Y%\omega=L

g=sqrt(2/L);

%This is the form of the test signal v

%hand the optimization function.

vval=g*sin(pi*x/L); %n=1
hvval=c(1)*g*sin(pi*x/L)+c(2)*g*sin(2*xpixx/L); %n=2
hvval=(c(1)*gxsin(pi*x/L)+c(2)*gxsin(2*pi*x/L)+
c(3)*gxsin(3*pi*x/L)); %n=3
hvval=gx(c(1)*sin(pi*x/L)+c(2)*sin(2*pi*x/L)+
c(3)*sin(3*pixx/L)+c(4)*sin(4*pixx/L)+c(5)*sin(5*pi*x/L)); %n=5
end

%»This function gives the value of the inner minimum.

%The equation below is \eta at the final time plus z(0)’*z(0).
vall = ( y(9, 50) + (y(1:4,1))’*(y(1:4,1)))*1000;

JWe multiply vall by 1000 to speed up the code.

end

%Continuous Time Second Example
%This M-file optimizes over the perturbations dt.
%This gives the overall minimum.

%This gives the overall minimum for n=1.
function [dt, val2] = innermin22

%This gives the overall minimum for n>1.
Jfunction val2 = innermin22(d)

dt0 = [0 1.5]7;

%dt0=[0 1.5 0]’;
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%The line below optimizes the parameter

Jhvector of incipient perturbations.

innermin=0(dt) (innermini1(dt)); %For n=1

%innermin=0(dt) (innerminl11(d,dt)); %For n>1

options=optimset (’LargeScale’,’off’);
[dt,val2,exitflag,output] = fmincon(innermin,dtO,[],[],[],[],
[-0.1,1]’,[0.1,2]’,[],options); %For 2 parameters
%h[dt,val2,exitflag,output] =fmincon(innermin,dtO,[],[],[],[],

[-0.1,1,-0.5]7,[0.1,2,0.5]7,[],options); %For 3 parameters
end



